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1. EU®IC

2018 4F 4 H 15 H2»5 20 HIZHFT, A F 4% - TN —
Z N A v ) =12 C IEEE Tk @ E B 253 ICASSP2018
(The 43rd IEEE International Conference on Acoustics,
Speech and Signal Processing) 23ffe & 4172, ICASSP %
Interspeech & il A CEHF S ERIEHMHESIIZBIT S b v
Thy 77 LY AENESITONTEY, BHEOIT)DME
T ) THM B OWR VR E o T b, KREDH
DORFFENL 2,830 FH D, 9 B 1,406 RIS Lz (3R
PR 49.7%). AR TIIEFSHEBLIIZHE S 2 082
EH LT, ICASSP2018 (25 ) B o HrBha 5 & OE
HERXBERIZOWTHAT L. (FKH)

2. SZFEER

EEEAOY v T gy THE DNEEYE, KU Neural
network (NN) IZHDOLK 770 —F 2y AnTBY, 1t
KOWHET NS T 7T —F 2 EE LTz —7,
—REIRE R L 72 A= A I EDC 7T Te—Fidh ED
Ronkhrol, F72, FFETREITEGLEOTE 15
BY A N7BotERK A v 87 —2 (GAN: Generative
Adversarial Network) & W& ERATHL. AT v
vt v a3 ¥ [GANs for speech enhancement] (28T
L DEEHEZ 2 HDOTBY, ZOBLOE SHEVEINZ.
TEROWMBETIVIZHD L 7T u—F (FIRAE & HES
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WOFEEFHE) & LTid, SEAE#EE (MCC-PHAT)
HiREE (BF) /&% (pitch) OBEIFERE 2 0L
L, Generalized labeled multi-Bernoulli Tk Z v F 7 &
TANY ) TR ERINCAT) T (1) PGSz 2
OFHE, T X TEROWRN LS TE 572
O, JRRGHHRD L3, —FT, (EkEE NN (2D
STEDNAT) v FRESREIN TS, 1T
OPDREEDOE — L %G L TBE, TNEERT L4
k77— 2 % Permutation invariant training (PIT) T%¥
TLFHER] TIE, unNA MELEREOBS MR E L
THEITONS.
HRGRIIZBTH NN OFBEICE L TUREND -
7o BIZE, EFEERTHER ZHEOH T\ b WaveNet & 5
FORFIZIG L TR e sz, ol TIE, #FE
DIEIIZNT T2 < ARDIHH S VT Causal convolution
ZATHZLIED, manBEREHEF RS 2 LI L
72 3. 72, EFNVEFEZUET S Progressive learning
(FF Ozl g =7y MBS 286, L3 HE
WD 5) IZHD X, SNR 2H#EL LoH s — 7y
FEEAT LI ETHREENELNSL Z EHMESN
72 [4]. ZoHETIE, BEY =7y bTa T R MR
MTELWI LD METH 725, LSTM 2 flvb 2 & T
fif e A A7z 4 = ] )]

Sr == =F S
3. HFErds

3.1 JL—LT7—%

LA, BEETV, BTN, BEHELRSOR
WHEFE—2oD a2 —FVEy T =27 TERHLZ
End-to-End(E2E) # D& # 2k O W78 05 Z61L L TH Y
ICASSP2018 T % { OFEENITHhNT.

E2E B 5 s ik O AL, FREk RS 70— F (&
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FRWT) HALA, HEEHA TR TE S, HEHER
MrCRE# % 1T 9 Acoustics-to-word (A2W) ET7)VIE, EH
RV T2 — VAR S, KEOFHT— 5 S L%
TH Y, HFERBBOR ) RRAGEOMED D 5. K [5]
I&, Connectionist Temporal Classification (CTC)[6] N—
AD A2W ET W [7) 12K L T4 2 Tk Fw3b 2 & T,
2,000 FHREEOFEE 7= 7 I2BWT, {ERONAL T v
FEFNRY 77— REA E2E €70V & [0 MhE % 928
LTHY, 4% E2E EFVEEROL Y EE LT, $72
N FY=7 L LTRWIIZEZ L L THTH L. ACHK
TlE, EFVOPMREE LTH 7Y — FHEAL CTC % fwv
52 L, FRT—F EEOERFIIZIERS Z &, Dropout
WX IEHMEAEZE L LB, FHER="— F o
ERzLHEOERNIZ, /— o hwEszHki-Z LT,
IR L PR 2 1) L ST b S SITRAGEDMEC
LT, HEEE ST (AN B L ER S
NEFHI LT, BERLTHImM A E T 5ETVE
HBRSELFEERELTEY, RO A2W LFEFEDF
WA R o 7o F £, RAGEE SCTHA TR REIC LT
VA, ICHE 8] R [9] T T — NHALE2E BTV L PE
M9 52 & CTHROMEZ BRI 52 FEEZRELTED,
A2W EFNVOEET =< D—DIZ %> CWnhLEERD
77— FHEAL E2E £ 7V CTlE EFCICZRIT 72 A2W £
TIOVOREICR L CIEILEAYEE TH 05, TR SIET
TN, BT I HVRWRD, A3 228D
WER 2EALT 2 &) DS 5. SCHk [10] Tl&, 47
77— FHEAL CTC 2 LT, 7L =24, VMK
BROET) v 72l b2 T, LR RE 2 IH L
Pfe % ET A FEEREL TV L. RN R TA T4 7
i, BHE7L—200%E7 L —20ENEH T % & HA
ATEECTHIBICEST Z L TH DAY, HibEH SR
ABTIET L — DIEDEALRDPEERLE DI L, REET
I Attention #¥## [11] Z V5 Z & T, FLEDEREZGT
W5, Attention BIEDTE & LT, @B ZOMHEE A
JJ& L72LSTM #3EA L, ZDO )% Attention #fE
ANETHIET, BUNLSHEET VOB X 245
FR, Attention BHEO M % X7 MUAJLIET A 2 &
T/ = FRICRG L EARF S FHERELTBY
HEH D CTC IR L CTHIFBIIZ 20% D HERER £ % 7R L T\
L. ARLWKIET 77 — FEALE2E €7V, 512 CTC 128
W, WROFIEEZRT L LTSEILRS. (BE)

SCHR [12] 138k % 2 77 = v 7 B @REICHET L, Listen
Attend and Spell (LAS) [13] &l o Fik THERA (7B
# S 172 DNN-HMM #3557 385%) & b8l % KR 2 %0 L
Tl ETHEARED. A TIIEE FoTkE LT
Word Piece Model I2ZD 77 — FHAL &< IVF A
F Attention B OB A T 11 %D Y Bl 2 1To 72, &5
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WZFBEEmTOIRE UCHER Y AMbFE, IEET7 v
DR N AZHEE N & 2B FEICF A % Scheduled Sampling
B BRI ANVOAL—T Y7, ROTRE O] EE
AN & 5T 27.5% DR Bk % 1T - 72

B, SCHK[12] THEASNEEREM CTH 2 HERD
FAMEFRIZOWTIE, RICASSP T (A7 & R
BB L TV AIRY ) [FEFC 4 WFZEHE 2 & FI DI ZED
ST Wz [14], [15], [16], [17]. F#I2STHK [15], [16], [17]
(TEALF T OFAL A THERR D /MU F B 22, R4 7%
AHGBE £ % LB L T 2 S CHIRIEVEGLA TH 5. F 72
I—VFOHERZHIME BT, R EIC L > T
FRIRERUET kA 18] bI—RES N Tz, ik
B L EFERBROMAE DI SBOMFREIME L TER S
ns.

E2E MFHHEEHO D 9 O & O OEELIFZED T,
DEDSDEFNTHEHEDY A7 2 FARICITE) L) o
THhb. k9] CTIRBEHOSHEOEF 2D EDD Ly b
D=7 HEH S L TREETCESHEIY ) BD S,
WhHW b Code-Switching k) Z & DT & % &5 ilak
REIN T2, FERICEEFRLT LY MR FRET
NV EED L HICT 5 2 & TEITRICIESERD

LFHRBOTREIATOND & 91205 20 2512, %
|2 Code-Switching D 7%\ 7" — ¥ TOEBR 24T\, ZD%
Code-Switching D& % 7 — % THE 2 {fkfit 356 2 &L TH
¥ 12 Code-Switching % 0 ) B RFRATHETH 5 Z &
7~ L72. Code-Switching M IZx} 9 5 —H L 723Uk
52 TBY, FRIMEOEVRLESZ 5. (FiH)

3.2 L LFEE

iz LFE OV A L LTE, ABETIVORNERK
AT 2 HEOM, +— kLY a—% (AE) 227
HERHEEDM D =2 —F NVt v b EFRIZ triplet loss 5
BRWIFE AT TERH 5. ERET IV E L TE—
fi2, GMM % HMM, AE @ 3 — FIZHEI5M % EAT
LEGd— MLy a—% (VAE) 2 EHd 5. ik [21] T
&, XA YT Y HMM B L ONRA 27 HMM & 2504 —
ML a—% (VAE) EMlAEDLE/2ET IV & EFEOHI
% LEFERIIEH LT, F il & BB A E R (NMI)
WX DRl 2 T, —EREOEEPTRRTHL L2
AL TWw5. VAE & HMM O AA HEIEICHE [22] &
PLL T3 25, WE %2 ZHEIITIEZ FERICFEE LT
B ICEWD S B, SCHK [23] TlE, F¥EILL7Z VAE Th
% Factorized Hierarchical Variational Autoencoder (FH-
VAE) % FXA A ¥ IMRAEORBE O % LB IR L
TWhb, Xk [24] T triplet loss 58 & B8 A XV b4
OO ORHMEFEICHW TS, triplet loss 8 (24F
BEMHOEMZ LEE L) HTT /AT Y7 AE &8
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L9 %A%, decoder & v 7T —7 &\ I EE DS
L. SCHE [25] TRABHERSEMHOBIEZOT A LT S¢S
JZ T Teacher-Student 28 2179 HEEREL T 5. 2
DA, Generative Adversarial Network(GAN) (Z2WT?D
Fa— bt TIVEEEE BT, Y1 ZIVGAN R T I A
AV MOENEF LT FA DO OBRHBEBRFEFIHCD
TATT OB SN ()

3.3 M=
M S A laklc B L Cld, A~v—bMAE=7 %Lk
THEF R — LT ZADE R, [EIESEH ], [#85
~A 7], THEEGEEE] v F ¥ —7— Fe L CGEmdrED
LTz ZoOGEONEIZE W TIENEE, MVDR-BF
FOWHETNVIEOSSEAELEES L 70y Py
FRELE LCHWD Z ENERTH o725, BUETIIDE
IR & 72 1) Neural-mask beamformer 528> TbH 57z
V) HIRDE, FRICETE IR NN (FESHE) &8s
FHENN (FEETIV) 2HACEE, #Eb$ 5 Joint
training (2B B FEEDEATH Y, B2 IXCH [26] T,
B EE, SEETNENEIUEEORE LM 2 A
L, iz flAabe e A9 2 &I28 ) kg 572,
SCHK [27] T, FEETEHRE R IC W CrERBS S & 15 C
Wh. F o H R B E R e R O MR (T B B S8R 2
FT%L, TNNA RGBT 572007 774 X=2a >
v FO#s, RakIERETEE, AU ) EE XM
(FEANY M2 EE) FIZOWTHHZ C DREN
Hotz. TrT4N=Yaryavy FOBRBIIIERNIZF
TIA4 Y (TN ZARK) TITON LW TH L7295, AL
MmO AD TEEETH ), Teacher-student training
ERHNT, T v 8 MoK S NN 2T
LHEN) T EDBEAIERR S LT Wz [28).
(A, KITIR)

4. EREIBHE

FERRRIZOWTIE, A =TV 1+t v ¥ 3~ (SP-L5: Neu-
ral Methods in Speaker Recognition and Verification), 7~
A% —3-+tvar (SP-P4: Speaker, Dialect, and Lan-
guage ID and Multilinguality, SP-P5: Speaker Diariza-
tion & Identification, SP-P7: Deep Learning for Speaker
Recognition & Verification) (2B T, & 27 HhDFEHEITT
bz

A e ClE, FERED HREFETE M E FIHT 5T bV (G
HERB) v L7z, 2 D0REE RO FE—M % 5F-l
T 52 L THEDRERHRI ZAT ) MMl AL — K TH
b, B EBIZIE i-vector %, [A]—PEEFMIZ 1% Probabilistic
linear discriminative training (PLDA) % % F-252

*2 http://sigport.org/2863
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NI TOERTH 7%, 4D ICASSP Tld i-vector I
Y, DNN 2D CERAERBDEEOE L x Ho 7z,

DNN (22D {FFEERHOREH & LT, d-vector &I
ENs, ZROFEETEOCFET— 5 P oeiE T EEAT
IRy M= EFERL, TOXRMVA Y Z B ETEE
FKH LT FEDPZET 5N L. Eric 513, LSTM I2£ %
d-vector I ET IV OEFIIA ) F 27 LB EHAT 5
FERRE L (29 BARIICIE, 7F A N—3EEE, 7
X A MERAT—ERESEE, T ¥ A MR, EFREONEIC
d-vector I ET N2 FEH T H 2 LT, —FEIl&T—4 %
FARTHGEICHRCEEREIRD 28 30% L RS 2 2
EATRENT VS,

72 DNN (2D KRR RBITIE, [/ LafE D3R 2 2
LR E DR 1 DOME S 2, W UiE ORhE 2Bk
LTIV S <, BIEEE OFEHRIUIR LTl i#ED
KELRDEH) Ay VT =27 %% T 5 triplet loss 123D
CFESHFETH. Li i, 2O triplet loss 12360 { Tk
I =Ny FEEHTRE 4 Generalized End-to-End €7 )V
WZHEER L 72 [30]. 7 F A MRS /IHKAEFHRH RGO & A
ZIZBWT, REETIVIITERD triplet loss (25D { Fik
W ZHARTHEEEEM % 60%HI L >0 AT D 2 10%2L
EHRRL Twa. FmmChTiE, R XA L
72N AL Y ORET—F MBI HAE L CREE LI
DEBEAT) FEDIRE SN, FEBARD % 30%LL 11l
W HIEDPHESINT NS,

SO, HenElAal LT, BEEIFIEL L LI
FHRBIDIEMEZ 2 2 £ ) IZEEEZRBIT 2179 Collective
Network (CLNet) 2324 1172 [31]. CLNet (& RNN 12 &
% d-vector M E TN LB EE A LA DY, FEEERE %
BRFEHT 5, TxbbERORFEEH & BIRL O R =
MO ROIZENIZHEDNTHIEOFEE R 2 RET 5 1
A7 4. CLNet 1ZfE£ D CNN/RNN 12 & % d-vector X
i-vector IZHRTREFIAERESE C, S HIEERON
IMZPE ) BT RBAE L 2 2 EPERIITR SN TW
%. ()

%
EAGFRRRICOWTIE, £A—F Vv 2ty 3 (SP-LT:

Emotion recognition and Biometrics, SS-L8: Deep Learn-

2

5. RIF

rﬂl
]l

ing for Computational Paralinguistics), KA % — 2t v
¥ 3 ~ (SP-P1: Emotion, Sentiment and Speech Analysis,
SP-P2: Prosody and Emotion) % H.0:\ZEF 31 R 5E0°
o7z,

GBI B AEEREO—D L LT, INH D
BT NEDbOTLETHLHEPEITONE. SO
ICASSP T, ZOREZ R 2720 DRADEKE {38
FIni.
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PEDT D YT — 5 005 OFEE TIRIERMED &
CHebLNL Z L, BEEERMIZBWTOIERILIZEH
L7=FED WL OFE S 7z, Bl 213 Saurabh 5%, A
TIFF B NS % N 2 72356 C O TRfR 7 ~OU R kB AS
RV L L) IZFEE %179 Adversarial Training %
Virtual Adversarial Training % B REHRE 7OV 28 12
L, =3 =/ 325Hlis £ 07 1 22— S ZFFl o /7
TR FREENDLET L2 L 2R L 72 (32 Che 513,
B HAMIE DT B Residual Network & VT, #5495
% T > ¥ A G BEAMFITHTHAEDE S DO ZFET
% Shake-Shake regularization % J&IHFFEFRIZIGH L 72 [33)].
SO, BIEHERIIEEIETIRI IR b o TERLS
EWVHRFUZHED &, I8/ 538 2 & |2 Shake-Shake regu-
larization % #H 3 % & & CREIFHEREESIN L35 2 &
L7z, SNHDIEANEIZED { FEIE—EDOR RN
HN7zH%, B0 HEEIE 10% LT ERENTH o 72,

o7 7a—Fe LT, RIEFBEOWMAZICHL, &
i RERR VA R 7 R 2 Bl 2 L CHERE T B Al A b 4R
FEINTW5B, Sefik bix, AJIZER R KITTOEELE
ZEMICH T AL a— YR L THESE, T0k
Irya—YWMroEEN T ZHEET HETIVED
WO ) 7NNV THFETLFELRE L [34]. B
ERZEM D FE2E 7))V 12 1E Variational Autoencoder %
Adversarial Variational Bayes 72 & OO O FiEHH
M, Wb — ki % CNN (28D { RIS TE
HAEREZR LI EPHE SN TS, Lixing 5,
Autoencoder (2250 { #filiZe UFEERICBWT, 35
MPOFEEWEIEF L V) EATYT 5 =2 OB AT & Wik
123k B L &3 D Orthogonal Autoencoder & $255 L
72 [35]. $REFHIIEDO 2D Autoencoder 12 & B #filiZe L
FHEERICETEVEBSDEBEZR L, 258%
P (B ) LA (R /PHE ) T v 7 R) DA
BB ToH SN LRI TV S,

FHEH D EEHIZLD TNV T 8 2B ISR
L FFEBIRE SNz, Rahul 513, CHE S ORI
BOWT, BEICHFET 57— IR LIV ENLD &
TN ET =5 L TNVELT— 8 2 flA G DY
TH78 ¥ % manifold regularization Z3E A L, T N)Uff &
FET— 5 H31/1000 D6 T BEIF S HREEDS 66% 0> 5
62%F CLAET LARWE & 2R L7 [36]. (&)
- BEESNIE - FETHE

HREAR - FREEARE P LE Ly v a vidt -
F Wty a1l D (SP-L2: Neural Network based
Speech Synthesis), KA % —+t > ¥ 3 >3 2 > (SP-P6:

Voice Transformation, SP-P14: Speech Synthesis, Gener-
ation and Coding) T 26 HFOED ® - 72, F#IZ WaveNet

= At
6. H5FA
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BLEDOFRIISEOK 1/3 2o, S HICEFRFTLRH
FIRFOMFEFIZ OIS STz, HEM S, SP-L2
NI D2ENT =2 xT 7 /07— 1O 34
SP-P6 28K, NII, LK, MFEKDF4 4, SP-P14
ANICT O 2 fFL, HAZBIWN1/3 L REMKLAZLE X
b, F72, BFERHKDLEOAREO N Y FIERIED end-
to-end(E2E) & GAN £ E2 %575, 7F¥AMEFEHTIE
Tacotron 2(& WaveNet) O E2E 23 V), 7 B2 CIIRE
AEE @ Interspeech TOFEFEDH D GAN OREEV LI
ZIF o, HEEEE FBOEmMS RSN DFT
(&, FEZHIND S OFERIZOVTHET 5.

6.1 sequence-to-sequence(seq2seq) EFE G

AR R ARETH /ST 2 DY v 7 EFR AL, EERT 2
LU REDIATTIRAINPLEFINT A=Y 2 TMT S
Pl Th o 7228, TEIETF A M OLTFHND 6 EFEIE
EFEE T % end-to-end HE AR O P AHNEH % 4
OTWD,

SCHK [37] TUE, attention (2250 < seq2seq B AHIZH
Wb % WaveNet AR T— 4 & L CHW % Tacotron 2
AIREL, BREFLIZIZFRAFEOHREEZFEOEF O AK
ZFEHL TS, F£72, Tacotron & D& ELTH v b
7 — 7 DA TR attention DT T A ¥ A ¥ MFEEM L
D72 ? location-sensitive attention MEA % 1T-> T 5.

seq2seq BT AU BV CHEERHES & FRINIER
B UETFETIEA TWA Z LA 5, attention DT T 1 &~
A 2 MIEFFEENS LIS E LT A 2 T LW, L
HK [38] Tld seq2seq HHEHUCBIT LT 714 ¥ X MEE
M T, BTOEEZ] O attention & $HL L 72 attention
27 % & 9 12 lF % 5728 72 forward-attention 25%¢
Ra3N, EFEICL-T, AREFEIZBITA2EZEORK
HRHED E LA B T EATRE N

SCHK [39] T, encoder 3 & U¥ decoder @ RNN % CNN
WE IR A2 EI2LY), SELRFEDHEZ attention-
seq2seq A AMAERE SN2, FREETIE 15 FEEEED
FET, K12 B L7z Tacotron & ) HAREDO B WEH
WERARETHLZ L xR LT D. Fi2, TOFFETIE
HEZ{L¥ % attention ®FEHZ HYE LT, attention A%
HEBLPSHENDE I AMPIKREL LD L) RO ARE
ALTWS, (EBiL)

6.2 WaveNet DIERES T

SCHk [40] TlX, WaveNet 46 & L CIEFEFER I N7
KA RUOIEER - HEET VOGN 217 o 72, EBE
R b, WIRERKETIVIZIE WaveNet NI —FHBHFTH
0, 7)) v A 16kHz O E EK T S WaveNet
7% 48kHz DMLFHE L ) mthRge TH 5 2 LAvREnsz. £
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7o, BEETIVORBERTIIHCHE#EEZFFOET IV
DEREITR E L7z,

SCHK [41) T, 3T F AN EEEERART S
WaveNet TTS OFHAICBWTHEH T — & @5 77—
FICEIND LT —OREETEL .. EROER, 8
7 — & m% 10000 3¢ (14 KERT) 525 2000 3C (3 KEf) FEEE
FTHO LTHAMEFOMEPKELHILL W L%
RL7z. (#1)

6.3 UT7IEA LETEREREARD -4

WaveNet 13 FECICH 2D, FFEEH GHICB W THA
BREEMAFEOMELTFEBATEZZ2S, 1y 7V o%EK
Ay b7 — 7 THERETET 572002, ERUZRER & 29
LR H L. UK LT, WaveNet @ dileted causal
convolution |2 & % &' 4 ¥ 7)) ¥ 795 Wavelet 24212
MBTEHILICHFAL, Ml 7 —) & (FFT) (M4
55 7)) 7 REA L FFTNet 2RE S L7
WaveNet (ZHARIUTET VA X3 1/20 TH Y, V7T
WE A LERDPITRETH S, Lo L, BEMICIZEZHE
WS [42]. (FiA%)

6.4 WaveNet DEEFELPEERBNDICH
PERDIE v I L— b (2.4 kbps) OFFFALIEH (> 7
YRN8 kHz) R 5t L LTy 7)) v RN 16 kH
D % WaveNet 28 85462 £ 12X D), WaveNet &7
WIGRMEEES R L TAREND Y, FFIEHTED
TW7z [43]. 1ERD 2.4 kbps D HA & AT, HEIZHE
DM ERBH o F, EERANOILHIZOWTIE 2 #i
TR SNz 3] B o 7. GES)

7. Human Language Technology

1 BESHRER
HERESREROBAM N L Y R, PIEEEDL T =2 —
TNERy NI =7 % TSR T - 72h%, HA
kAR ) 2R LTS C Aoz, HE S RE g
DOFEMBETE, EHEHR) ZEE o VIEROFESRI L
WL ENRITH LD, HiEamaa ) et T ¥
AMIHLTIERECHERABILLTLE D 2N T
Vh DN T, EEER ) NORLICER L2420
LKA AT 5.

SCHK [44) TIX, ATy T4 ) YT REEERAEED 72
D=2 —F )y NI =712, HTEARME) ZETET 5
D= a—F )k NI @k L, —RKTEET L
77O —FERRELTVL, HEEEERIITT L 8ER
FITMZ, 48RSV MEEOHER)HOWHFEDRE LT
BY, BEERHEOBHICBVWTLERSNL T 7u—FT
HBH. LHK[45] TIE, FAEBBEBEROI L T2 -V a >

7
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Ay M= DO ENMEE R EEIT) 2D =2 —F
WAy T =27 Z|ELTEY, nbest A MEEfE)
BLERBLCEWEREIMEONL I E2HEL TS, O
V7a—=Tarry NI %PH =2 -0ty T~
70%, FEahERHEE DAV O 4 7075 SRR PR #H T R
ThHh, FRENT TU—F L F2 5. CHk [46] TIdE
RN IR ATy N T4 ) YD, ATy b
TA) Y ITHO=Z 2 =5 vk y =2 LI, HEE
WREATEER T A2 —F VA VT —2 Z—KTE
TUET 27 70 —F2RELTEY, Uk, HF
AR AT OB A THHEBEICHET 2 L2 HEL T
Wh. ZOT7 Ta—FOREIE, TV & O LR
Rr MG LLENRVETH Y, HFEHAOT N v 7
HRER ATy 74 U7k 5T, BRICH%E 2T
LR B, SR [47) T, HE IR RS S e v AL
HAAT) 72012, EEFEEEE R O EHEER T X)L & i
ETLETMEERIREL T\ 5, BB E RG] D 5 HEE
S EHETH 2 —F ) ky T =2k HERTINS
B NVEHESTA 2 —F VY VT — 2 BFNRER
TP =2 LTBHEL I ETRERN IV BE
ThY, FFEAHHOFE T — 7 S MTENICHHTE 2 4
WBIFFICERNTH 5.

IS OFAENN DS, SRIEEFRTeEEEN R &
DOABDOFHEFESFEMHEPFATIZ OV T, HHERMSRY 2 £
Liz=a—=9 Wty NT—=2R=AD7T 70 —F OBF
L EZONL.

FHETNVIIBWTY, §lEfii&d=a—F )ty bT—
7 & 72 HA L TH o 7z

SCHR [48] TUE, AT E O “Expert” ET IV E, Fb
WX R EAZHEE T S “Mixer” €T N DM A HE
ZHEL TS, Experts & Mixer 34 & 12 LSTM
FHLTETIVLE S, Tl 2 HEE D & i E R
DERICEEENL Z LR TH Y, YouTube ¥ 7F
OEIRILIAZIZBWT, BHFEoUEI MG S
TWh, Bk [49] T, FEEFLTEL CAVLATY
% Teacher-student modeling %, SFEETWVIZHEF L T
W%, LSTM 12T Feed-forward #l= 2 —Z )V % v b
T = 7 3 EFE RO A EAE L LT W 2 EE L
LSTM %5 Feed-forward Bl= a2 —F )L % v F 7 — 7 ~\D
Teacher-student modeling e £ 2N T\ 5. ERFSHHE
EERILYAZIZBWT, LSTM & [ASOMRERZ 132720
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