BRUEZMRRE

IPSJ SIG Technical Report

EDARY MUEICEDS DNNEEZHBO-HOD

) 79 $BROY TNy RILE

fefin smate) g (D) e gRgE el

BE : ARTIE, EHART PVEICEIK BRE» DHEGROBVFEEARO-HD Y 7 X FHER
Y TNy NIRRT 5. M7 1 VR ERWZES AR MVETIE, SRERKE T 1 VX
DRy TEPEL BB L WIMENDZH, BIZT 1 VRITHYI0 2475 7210 CREFHEEFHIRE 13/
DYITRHENBIT D, BAPRET S 7XEFETE, 7 VZOITBED Ry TRESRMEL LT
BT TANT L%EEHT S deep neural network D/8F X =X 23T, EXTANT LA SMHEEE
TT B0 7 XEREEFHETEILICED, TANVRITHY O RREICT 2 M EL2BRBTS. &
To, FERARS MVEERINEESFEOLEHIZHWESES, GROS VX LARES EEmT A2tk D,
ZEHEFEOQREMENT 2L WS HEENEL 5. KFFETRES 29 73 FUE T, EIkOAE 7 ¢
VA TEBMTZZLIz&D, ZOMERRENET 5. FERFHHZED, (1) 74 V580128259 74
FHEEHNDZ LT, B0 7 VR VI ORERERIRTES Z &, (2) 7NV R % K
BROZBIZHWS Z iz &b, ZBEFROMENKEICH LSS I L 2R

F—7— R EHPART MVIE, DNN BHEZEH, M7 1 VR, JReISEEEE, 5750 RLH,

Vo0l.2020-SLP-131 No.2

2020/2/13

T4 NREBED, F—X FY T Ui

TAKAAKI SAEKI®  YUKI SAITO?)  SHINNOSUKE TAKAMICHIY'®)  HIROSHI SARUWATARIH®)

1. EL®IC

AEAHIL, H2FEEOEFEZMOFEFEDOGEHICETT
LEMTHD, EEIZEENDSEEBREHLEL, T -
FEFEROAZLTT S [1]. Zhizkbd, ANHOFEM
MEREOYHNHWEBA ZEFIIa=r—Ya v
MHFEIZ D Z AR I N D [2. &b —MNREEE
HUIHETNFEERTH D, BHEEOSERBEEZZ
PR H DG ERBEICERT 220D EFEET V2
g4 5. T4, Deep Neural Network (DNN) IZED < A
B (3], [4] WAL HEINTH D, RVEHEMEZE
KT BETLANREINTWS., HELME2EGHT S L
TlE, ZEFROBEZIT TR, VT VRA LEPEHE
BUY =AW RDSENS. ZNET, Gaussian mixture
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model [5] ¥ DNN [6] 2\ 7z, CPUILEB Y TILZA A
FELEMTPEIMMELSNTE Y, #EHHAPC D120 CPU
TH 7)) TN 16 kHz DEFEZ ) TR A LILE
PTEBLZ LRI NT VS, LLrLEMRS, ZhsD
FIRIIMEAR L UCHBE I A MAIE L, BER R A~ 0
RIEHISAED - DT, BHREOFFE I A N2 YT 5 4
=N 5.

Bx ik, EREPOHBNGRMEOENFIELE LT,
W R ALV TCOEBRFIETH D ED AR NIV [T %
WS, ZRART NVIETIX, BHoTia & B4
DARY VA DERZEGZ DT 1 VA ZHEL, £
NELZWTHEZEDO G FBEFICEEEHA TSI 2I2&oT
EHAEITS. ZOHER, Ra—-KicksbT5— %[
TEHEI Lo TRMEREHZEEHTE, =2 -
Ra—& (8], [9], [10] & H#T 2 L FHRABRIE . %
ARG MIVIRIZHED K FEZHTIE, Mel-log spectrum
approximation (MLSA) 7 4+ V& [11] Z HW=HA XD
b, IMIHZ7 4 VR ERWEZSBEOANEWETH B Z
EWHSDPITR S TWD [12]. BMIMHT7 4 VR EHWS
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conversion = light computatio

B 1 fEkiEe) 7R2FEE2HANEEDARY MILVIEE DB, 74
NEITHY Y DFBEFIHTE &S0 7 X 2EMICFET
52T, WBEEHALITTIIRY TEORH VT 1 L& % BE
TE 5.

54, DNN R EDOEEBETFIVIZEN T A NVXDETr T2
MNoLEHEAL, EBETEZXONBY 7R ENITRIL
NV NEWAEFTS Z iz kD, REFESROES T 1 ILRD
MMHAERET S, TOHETIE, 74 VAERFHOHEIR

MINZIWHDOD, T/MIMHT A VRIZTANVRDR Y T
EDE R Z MBI NARWNZD, TR )UITD
FHEENENT WO HEND L. ZOFEEEHIIRT
LHEE LT, 74NV RERHEE T HY5 [13]) 2
WETERTHIN, BIZT 1 VXTBY D 21727254,
HHRENPHIRE NERb D ICHENRLLT 5.

T, ARTI, WEEHLSETIZT VRIS
DHBERZHIET S HEE LT, 714026810 258
U720 7 X ZEEEEBET S, ZOHETE, 7140K0
HH0 &y 7REZ2EZMEL LT, EXr 72 L2EHT
%5 DNN DT A =R TR, ETTANT L SAE
MEHETT 57200V 7 X{FE % HAIZEET 5. DNN
DNRTA=RE) TG, 71 VR BY D DEMAED
L TEBMOEELRAT LS ICEEEINE 2D, &
MEFOHEEZ LI ETICHAERZHIBTELZ e
I s., 2074 NVRFEHRERWZED AR MVIE
&, WROBINIM 7 1 VR EFANIZEZSART NIVIED
WaX % Fig. 112md. m/MIMH7 1 VX2 W20 A
RT MVIETIE, eV NE#OY 7 XITERTH LD
XL, RETDHY 7XEEHETE, Tb80len7z7 1000
ZDIREALDHEAWHET X512V 72X 28T 5.
X 51T, AWIETIE, EHARY MVikE 16 kHz O
2 5 48 kHz DJLAFRIZILIET 2. LG HE OE#IZ
ERNARY MVEEZOFE M UGS, LFEROEHE
DTV ELREEGHEETNMALT B2 L BREER D, i
T O MBI, F 2T, SRS OB HIT
U, 37N\ N ZIBERT 5. 2O HEE, BHcEEE
DEFEEDEBES DAZEETIVIZE > TEHBRL, Bz
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DEFHEFTZZLICE-T, BEHEORER LE21TS.
U ED 2 DDREEDOERMEZMEET 5720, BEEHGE
FOEBGEMEZ M L 72, FEBRINGHEC X b, (1) V7 X
FREEY VT VI 16 kHz O FE O E
L, BMEEOREE2HLIETIZTANEZDERY TER
/16 IZE THIRTE 2 Z L %2R L, (2) BETE2H TNV
R % 48 kHz B> 7)) V7 DEEDOEHUEH L, &
BEFOMEE KIBIZM ETERZ L %2RT.

2. fERE: RAMIEZ ANV ERVWILEDR
Ry MUK

AR NVIRIZE DS FEEMTIE, BuIMIHT «
NRERAWSZLIZ&E>T, MLSA 7 4 V& % H\WT-E;
AL EENEREBREFENMBONE I EBMSN T
% [12]. AHiTRE, W7 1 VR &2 BN ARD
MVIED, ZE - AHREOMIIZDOWTIERS.

2.1 Z2HBF

9, EBAFEZEOEH WY 2 EKE T —) T
LT Bk, HEARZ MLVRH FO =
FOT L FXT RS T ams, 2L, 3T —
LAVTFY AT, TIRRILV—L8TH5. DK, 71—
LtOMREHLCHMNT S, F poffxEzZr 725
A CY) ZHL [14], 2hE DNND AN LT, %57+
NADIERFE T TA RS 5 O itEd 5. ZorE, &
FEOMNEr 7A NS L 60 kel =™ 4o
LE, JU—AtIZETAEEEKL IR 1) DLS iz
KES.

~Y)

A (Y
L, — (CEY) ol (Y)

e -¢)y

7L, O WEBIEEE O EREFE OERET T A b
TLTHD., ZOLE, X (2) OBEZER L 25/MET 2
ESIZDNNDNF A —XEZET 5,

1 T
L:Tg;g (2)

2.2 EHEF
LW, ETEHEADODNNIZE>TED T 1 LK
DIERET 7275 CP) wHfEs 5. x5z, P o
EIROEZ 0o LU, K (3) 12k o TRI B HR/MIML
DI=HD Y 7 ZAZE Upin [15] & BN TV~ A%
FH22Iky, ERDTANADEEARZ bV FP) %
5.

1 (n=0,n=N/2)

Unin(n) =42 (0<n < N/2) (3)
0 (n>N/2)

=L, NREMRE Y Bchs. o FP 27—y
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BT HZ LIk, BEERTOERS 71 VR EGES.
ZDH, TOEHNT 1 IR EEBRTTIEE DG EEM KL
TEMALZ LTIV EHREITS. 22T, BRI
BT 4NRETHYD 217584, FHREENHIRT E 2/ b
DIZFENHT S.

3. RE&.

ZZTIE, AMIETIRET D71 VX BY 0 2EEL
)T RFEBEE T TN RUBIZDOWTHRAR S,

3.1 Z4NITLTYEERBLEY) 79EEE

TANRITBY D 2F@EUZY 7 REFETIE, 740
2 DFH Y] D &S W RER I TFEERR IZH AR A, DNN
DINTRA—=RDHRIRST IR NEHD DD ) 7 X%
BWAELHEHT 5.
3.1.1 T

FHROMM % Fig. 2 12,_9. £, 2.1 fi& FERIZ,
DNN I2 &k 5> TEDT 1 LRDERET 7A 54 CP) %
HET s, P OEmROEE 0D L, FHIZL>TH
2072458 u 2T, o7 TEHLT
exp ZNBZ LIZ&D, ERTAINVXDERART FILR
I FP %185, ZhEuT—) DAL CHRRBERD
B7an2 fFP e L, R(4) DX ICEER w 2 EHT
52 LIk THBYID 217 5.

1 D

U= w (4)
Oth (I-1)th ith (N—1)th] "

w = 17...’ 1 70’...7 0 (5)

R CH By ohk7 4 L x £V 2 FE T — ) T8
U, 2y TREIDEDT 4 VADEHZARY VRG] FY
85, BaEFEOGEA~s MR FY 1k, FO &
FO OE#REMS - LI E-TRONE. X502, B
WS BMEEOET FANT L G BHILT 5. FE
WS HEEBEBIEA (1) EFEUZH, DNN DT X —
REFTRL, V7 REHELEET S, EHOBRIC
BOTHATHETH D, BN EREICL DT A —&H
WEITH>ZENTE S (16].
3.1.2 Ty

B L, FR%HD DNN & ) 7 24850c FD) &4
ET B, ZhgT—) LML CHSERD 7« L& £
YU, Ry 7RITHBB 22tk -T ¥ 2185, =
NELEHOLFE O HRGHEICEBEHT S Z LItk TE
WG %135,

3.2 Y7V RLE

ZIZTIE, EEEREOEHIZEIT 2T TNy Nz
DWTIHERD. FEROB/IMIMET 1 NV ZIZTHED L £ AN
7 FVEER A8 kHz Y v 7)) v AIZHEEE L 2554, EiEo
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Source speech Target speech ~ STFT &
Cepstrum calc. v,
uw —C;

STFT -
| 1Lti
FEX) ® M ’C‘-EY)

gz) P gz)
Hilbert DFT .
DNN transform Truncation

a)%ggg ® o IDFT (D)
C; C; T Fi ft
u Lifter
cepstrum A Minimized to train

________________________________________________________

2 V7 REEETOFEER.

TURNIET IR BT LI, EBEHE
DEEMETRT 2L WS RENREL S, 22T, (KI5
IR R 2 TS 20 TNy ML R R T S
BARIIZIE, 8 kHz ANDEEEISDAIZET 71 VR %
WAL, 8kHz K O RERMAIET 4 VR EZHEHAETIZE
MEF AL, ZouE, (1) FP ofodiErs 1.0 %
ZUEIE, (2)8kHz LTI 76 0IZE BT LV ITEA
FEIEZE 2T, (3) 1.0 2HENE TS I LIz k> TES
T 5.

3.3 REFEOS/MRUMEFIEE OEE

PERIETIE, 7 TANS AT 7R BBERL, B/
HEeRBEIIZT7 4 VRDIEREZRET S, 71 VXD
RIZFTBYDIZ L - TEAT SN, VIxE2EETHZ L
&0, 500 OELFHET 2 LD ICHEIEHX
NprEZONG. FEMIZ, V7 XFHEIZLY, £
FREOMBLEMHI LS T VR ) VI DHAER
ZHIKTE %, Fig. 312, #ERE (1=512) &V 7 Xx%H
(1=32)IT&BERTANZDODRBNAT—NHERT. N
X0, ZRTANVEDNNT =000 5 100 £ TOMHEITIZE
FLTWBZ MR TE S, £77, Fig 412, /EkE (&
INMAEAR) DV 7 R EIREETEHINSZ Y T XRE
D% ZTNTNRT. EREDOV T7XD, T TANTLD
TG UT—EETHEDITRL, V)7 RFEHETES
NEY7RIE, WILZ TR R 5.

1fiTRUEZEDIZ, V7 &) vz ED S A#EEI,
BHRFD 7 4 NV REFFOFHBEENNS S THL L VWO RE
BHb., VI RFBERFANEDART MVEIZDOWT
B, MHEHEEOFE I A NMIRERELR—TH .

AWETIE, V7 RXEHEEFELHUZHANT VS A,
ZOFHIEFERSHCSERFAL Vo T, TR Y VT
EHWAMDZ A2 1ZHEATRETH 5.

X517, YINY Rz OWTHERT 2. SHEREO
RIS LT KR E S BR B 720, BRI & @RI
EAIRT B Z E DR TH S, BTN K WaveNet [17]
Tk, FREERIIEROFSIZAFIEN, Xy T
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3 fERE (1=512) LV 7 XFEE (1=32) I2X2ED 71V
R DRMANT =0, MO MR CTESR I T VWS,

0.0 I f f f f f f f: ]
Y .

—0.2| Y

04l a6

-0.6f

4—a Conventional ||
-0.8||®-® Proposed

0 5 10 15 20 25 30 35 40
Real-cepstrum index

Coefficient difference (x 0.01)

K4 m/MIEEODD) 7 2R8E ) 7 X ¥EE (1 = 64) TR
SNV 7 XFEBOM. wInd, UMD ZHD Y 74
R DEFEDM>TWVWS.

VZENTEINCAUE I NG, KR TRET LT TN
FIBETIE, 7Ny N &R OE BRI O IE XY
VYTV T ERTFDRN. VTR LAEHREEET S
BEE, 3 DODRBBHEIZAEIL, RHIBONEE X
YHUTV U TTEIEICED, TR VI OFED
AMZER1/3IZHIETE 5.

4. SEERRYFT

4.1 RREH

EMEEEE S BMEEE (m2m), MRS S LMERE
(fof) @ 2 OB D WTERZET - 72, HIEDE T
B - AWUREEE I VWT D JVS I — %8R (18] O B
st e Wz, M DZEEEEE# 1213 JSUT 2 — 38 [19)
DLVEREH, BHGTA ICIIFEERG 2 —S2 [20] D%
MEEHE 2RV, TNThOFEET —XIZDOWT 100 F
(W12 4) 2MEEHL, 80 X% training 7— X, 10 X%
validation 7 — &, 10 X% test T—X & L7z,

FMIZIE 16 kHz B> 7TV v 7 ER L 48 kHz ¥ > 7TV v
JEEEAW, 16 kHz 3> 7)) v 7 EE I ERE 7 —
VI ZEWETORIE, BEEZ25ms, 7V—AY 7%
5ms, FFT £% 512 &1, {KIRT TA T LDIRT%E 40 &
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1.201 A
\ --&-- Conventional (f2f)
LISt ay ~-a-- Proposed (f2f)
W 1.101 \\\\\ —e— Conventional (m2m)
g 1.051 \ —e— Proposed (m2m)
o
1.001
0.951 \\ - I
EE
0.901 °

20 40 60 80 100 120
truncated tap length /

5 fitkike ) 7 x#¥ED RMSE.

U7z, 48 kHz > 7)) v 7 EHIZERM 7 — ) =& %
TOBDBEL 7LV =LY 7 X 16 kHz D& L E—T
HO, FFT E% 2048 51, {KIR7 A b T LDt % 120
& U7z, ALY U T, training 7 — X & validation 7—
ADOMERMZREL, BHICEEE OGS & AHILGES D
FH DT — X E% dynamic time warping 12 & D fi X 7=.

FEEBIZHWEZDNN 7—F 727 F viE, Bh/E2ED
feedforward neural network & U7-. BRhva = b#iL,
16 kHz Y > TV Vv I OERE2 BT 25851k hE N
280, 100 & L, 48 kHz %> 7'V v DEFE 2 BT 5545
X ZENZ 4 840, 300 & L7-. BEhEOEMALEEE LT,
sigmoid BI%Y, tanh BI#A* 57425 gated linear unit [21] & Hf
B, &4 OTEMHELBEEIZE 3 FTIZ batch normalization [22]
E{To7-. 7z, B LTFIEICIE Adam [23] Z Wz, ¥
BIRFIZEWBOLEEH L BREGFE DT TA NI L %20 -
DELIWCIEREL 72, Ny FH A X Ry 7Tz <
1000, 100 & L, V7 X%HiED DNN /8T A — X%
BT 4 N RIZFED K EN AT MIVIEOFEEBOME
THIHHEL, ZOBEDOY 7 ZEBULB/MIARED =D Y
7 R OE TR LTz, 16 kHz ¥ > TV v 7 DEH
ke ) 7 2B EEHT 2BOFEEREThTHh
0.0005, 0.00001 & L, 48 kHz ¥ > 7V > 7 D& AHIZHe ik
&) 7 RERER AT 2O TN TN 0.0001,
0.000005 & U 7=.

BEEDOS> S, V7 2ZEEFX 16 kHz ¥ > 7V VI EH
L ASKkHz B> 7)) v IEREOM T — AT Lz, YT
VY ZEEER16 kHz DBEOHBY0 Xy TR 11X 128,
64, 48, 32D 4r—A& L, Y7V I EEE 48 kHy
DIGED11E224, 192 D27 —A& U7z, T2 R
X, Y27V VIR 48 kHz DF O AITHERTEE
WHT B Z LIz > TIFEL 7=,

4.2 EEHMRER

HHU0 2y TR 224038, RERELIREEE test
T =R U CTHWZ5 4 D Root Mean Squared Error
(RMSE) % i U 7z. RMSE &3 (2) OEHIRZ - 72
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K1 VU7 VI HE16 kHz OEFICHEREL Y 7 2 EHEE

HAwgaon7) 77V vy 2237
(a) EERLME
Lifter training Score p-value Conventional
l:32 (m2m) | 0.587 vs. 0.413 1.3 x 1075 | : 32 (m2m)
1:32 (m2m) | 0.463 vs. 0.537 7.3 x 1072 |1: 512 (m2m)
1:32 (£2f)] 0.642 vs. 0.358 < 10710 | ]:32 (f2f)
1:32 (f2f)] 0.543 vs. 0.457 3.4 x 1072 |1 : 512 (£2f)
1:48 (m2m) | 0.533 vs. 0.467 1.0 x 10~ |7 : 48 (m2m)
l:48 (m2m)|0.550 vs. 0.450 1.4 x 1072|]: 512 (m2m)
l:48 (f2f) | 0.613 vs. 0.387 1.3 x 1078 |1 : 48 (f2f)
1:48 (f2f) | 0.548 vs. 0.452 2.0 x 10=2 |1 : 512 (f2f)
(b) BHE
Lifter training Score p-value Conventional
l:32 (m2m)|0.687 vs. 0.313 < 10710 |[:32 (m2m)
1:32 (m2m) | 0.529 vs. 0.471 2.3 x 10~ |1 : 512 (m2m)
1:32 (£2f) | 0.807 vs. 0.193 < 10710 | ]:32 (f2f)
1:32 (f2f) | 0.742 vs. 0.258 < 10710 1:512 (f2f)
1:48 (m2m) | 0.606 vs. 0.394 8.7 x 1078 |1 : 48 (m2m)
l:48 (m2m) | 0.523 vs. 0.477 2.6 x 10~ |1 : 512 (m2m)
l:48 (f2f) | 0.581 vs. 0.419 5.5 x 1075 | : 48 (f2f)
1:48 (f2f) | 0.513 vs. 0.487 5.1 x 10~ |1: 512 (f2f)

ETH5. Fig. 5%, ¥~ 7 V) v ZEAMK 16 kHz D&
U, BEERS B, M S L0 ERET - 5 E
D RMSE 2RLTWA. [OE&T—RAIZDOWT, V7R
HEIPERE L D ERERE R E EB L TW5 Z LD
RTED. PERELY 7 XEHED RMSE O£, | AN
L RB L L VBHEFIZRAEAPRTHNS. T OFEEMH
5, VI RFEEE 7 4 VRITHY 0 O EEZRFETET
WBZ ENbhD

4.3 FHEFTMREER
4.3.1 V) 7 92T EOE

ISRV =V EHVWTEEILET S ABTALME
FOFEEELNMEICET 5 XAB TR M 217572, &&MIC
D, 30 NOBEHE DY 10 XD FHE Y~ 7V % Fii L 7z,
XAB 7 A OB EH X ITIZEHAETFEOARSH %2 H
W7z,

1, Y7V U EER 16 kHz OFFEH WS
GO, fEREE Y 7 REREOEEZRLTWVWS, m2m i
B S BMEADE A, 2 1T LMD S WD E K

LTWa. ERETT7 1 VR 2 HE]5 7254 (“Conven-
tional (I = 32,48)") LIS 2L, V7 REHETT 4
Rz B> 72856 (“Proposed (I = 32,48)7) IXFEHEFAML

P SEOVWTNZOWTHEWATTZRELTWE I L
PR TE S, £, FERETT AN RETBY SRV
4 (“Conventional (I = 512)”) KL TH, V7 XF#H
% (“Proposed (I = 32,48)”) XN L D E\WA I T &R
LTV ZEDRTENS. ZOMENS, HERETT 4
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xR 2 YUT) VIR A8 kHz OEFICHEREL V) 7 R EHEE

AWHEGODOT) 77 LY ARITT
(a) FEERMME
Lifter training Score p-value Conventional
1:192 (m2m) |0.461 vs. 0.569 4.9 x 107* | : 2048 (m2m)
1:192 (£2f) | 0.519 vs. 0.481 3.4 x 10~ |1 : 2048 (f2f)
1:224 (m2m) | 0.474 vs. 0.526 2.0 x 1071 |1:2048 (m2m)
1:224 (f2f) | 0.519 vs. 0.481 3.4 x 1071 |1 : 2048 (f2f)
(b) BE
Lifter training Score p-value Conventional
1:192 (m2m) | 0.529 vs. 0.471 2.3 X 10~1 |1 :2048 (m2m)
1:192 (f2f) | 0.447 vs. 0.553 8.9 x 1073 | : 2048 (f2f)
1:224 (m2m) | 0.513 vs. 0.487 5.2 x 107! |1 : 2048 (m2m)
1:224 (f2f) | 0.517 vs. 0.483 4.2 x 1071 | [ : 2048 (f2f)

K3 VTV VIR A8 kHz D

ERAWESGEODO TV 7y LY AAAT
(a) FEEFLUE

IZHRERIE & B TNy R LR

Sub-band

Score

p-value

Conventional

m2m
f2f

0.519 vs. 0.481
0.603 vs. 0.397

3.4 x 107!
5.0 x 1077

m2m
f2f

(b) &

]

Sub-band

Score

p-value

Conventional

m2m
f2f

0.721 vs. 0.279
0.700 vs. 0.300

< 10710
< 10710

m2m
f2f

WER =B 5725

—7, V7 &RE

Z TR 48 kHz DIBE DR % /RT.

L 7T

A D

WEPKREL LTS

Bikizky, WEE2LHLIETIIRY TR
%1/16 FCHIRTE A Z W 0h5b. £2IZH TV

7)) v IR 16 kHz D5E

7 RFEETH
TEEN, [ =

192 Tl

ZDGEy, v

AL EEDMEEDSER S, Y
E%%&é?k&/7§é17%4kMH

IEREBONE - HEPBT 250

HB. LizioT, 48kHz > 7Y V7 DgAE, 16 kHz

Y TGS

FETIERVA,

ZRIBIZELSTEDZ L h5

4.3.2 HITN

v FALEE DT

TANERDRY TE

431 HiEFAEDHET, 7NNy RUEIZOWTH E8]

il 2 17 o 7=

HEMALSGE
7 ZFEEES VT W,
&b, FREFEMME -

*3ITHERZRT.

NTWBZERHh5
5. HWIC
ARETIE, EPARY FIVIEIZHED S FEEHIZNL,

)7 REFEBES IO TN N2 FE L /-,
D, WEEHELIETICTALR) VI DEHER

BHRIZ X

REEFIZH TNy R
ZIMELCTED, 740X BE0DEY
FEERNS, TNy Nz
EHEOWVTNIZDOWTEH KIFIC X

)7 R

ERECHIRTE, 7N NUBEUZ XD, R DZ

A D

WEEWETESL I E R L.
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