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G REE RR 2 RIBH CIEAI NS LS 1Lk o7z, 7
77 FR—ZDENZEHREFEOIE I, WEEE%
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Bk 2 7RI TE WIS RE 2 MERF T 5 Z L 1T R ZINEET
HY, 5IEFRELOMEITONTVS [2].

%%%E@%%%mﬂiéﬁﬁweoabf@%vfﬁ

FRIERT B HEDNH S, IR A 27 I XIEEN TR
Fﬁﬁ%ﬁxé?f?f%%%a@wgéﬁﬁﬁé<,%
HEFEREE N oS RM [3-9) P XM [10,11], &K
FH R (12, 13] [CHHME S 1 Z 2B WTIHIES 1 2 ORI A
MafEnTWwad., LaLaMRs, WiE~ 1 Zi3EsE~1 2
LIFRELS B> R 2R OBE BRI ND 72, WH
DEFRBBYATLTIERBEENZLIMKTT S, £
t,bﬂiTLM@VfﬁfWﬁé%tﬁﬁﬁaamT—
RAR—= 2GS, FIAARERIAE S 1 7 F A D
%5tm,m%749§%®ﬁ?%%§t%rwé¢§?
L DIFREEZRILTH 5.

TP
Shizuoka University

2 EEEEMABNITT
National Institute of Advanced Industrial Science and Tech-
nology

(© 2020 Information Processing Society of Japan

AW TIEIRNE~ 1 7 S ORMBEELERET 57200
HHEETNVOFETFRLEERET L. £9, Hii~v A 7L
W~ A 2 TRIRNER U 72/ MNEBL2 8 LIV T — & 2 FHw
THFE~Y A 7 ORHEZER D 5 WNIE~ 1 2 OfF 22
DY v ¥ % Long Short-Term Memory (LSTM) 2
ko THEHET L. WL, FHFEORB~Y Yy Y IR~
17 TR I N A D KBS T — X R — ZIT5EH
5 & TREOELUE < 1 7 RiffiEz Ak L, HiE~
17 DT —REHIRT 5. LTI ORBIHEEES 1 7 R
= % A\ T Deep Neural Network-Hidden Markov Model
(DNN-HMM) NA 7V v REEET VOV E %2175,

BT, BRI~ 1 2 R T E O DNN-HMM
BUELET N, B~ 755 ¥ I 7z DNN-HMM
EHEIETVE LT, RIVILT—R EAHERECLS
EREETNVOEFEZIT, TONRT A —R % EBROIHLE
YA VRHEICEIGEE 5.
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2.1 WEYA 7% BV EFRH

MHME~ 1 2 TIER L 72 F B AR A SR E S REL
Thy, ~ ML GE 1 2 TIERL 25 H & 0 & RHIR
THb. TNPXIZHEEY A 7 DATIE RS KE YA T &
AL, %%PF?TW%74aam®1ﬁ%ﬂﬁiéb
CCEHEMBAOMREPEEE T VO AR EL LS &
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Fig. 1 Feature mapping-based data augmentation and knowledge distillation for

training DNN-HMM of throat microphone

CURIE= 1 2 A B DOE D TFIETIIHST L 2T
EH 5D A 7 DR EBEELT 20 OEAZ T HTEE
TEHZEDWREETH B, /2, DDA I ETNTNDH
HETUPSHBUBEREZRAT 2T (3,4 T, W
B HEEETVVEKETHL eV RDLND.
Z ZCARMISETIRINIES 1 7 DFEE FILOREREIZE
HY 5.

HE~ 1 7 FRE%2Z 0 F FWHEOFHEBIRY AT LITA
h$2s, [REIA 7L OEFHEHI AT Y F D7D R
BIXELULKTT S, 502, FIHARERIRE~< 1 235 m
F—REDVRSNTWBE72D, HES T 7 HEDATERE
ERnEEETVEZ2ET0WHTHS. 2 TR
A 0L RE AT TRMNERL723F LV T —XZF|H L
T, WAES A 27 B EE 2R S /B~ 1 7 BRI A D
< v ¥ 7 % Gaussian Mixture Model (GMM) * DNN
EFHOWTFELCEE, Bl h2lHT 52Tl
WDGHEAMY AT A FHVTHBZITS FEDREI L
TW5 [79). REizxvy v itk THEEI AT Y F %
mhlssZercE, RBKEELEET LI erRETN
TWBH, KA 7 & AR THRZRINN B EAEHRB K
FELUTWBINNES 1 7R ME, S KB 1 7R EEAD
TV VT EERIIGI LMD THLL, 72—
BETCIRAE~Y S 7 L AFORBEE 2 ZERTEZ L&
TETWVWAW,

2.2 MHEH

HIGHZE TIXIEME T NV (hard target) & ZAI(E 5 & 9
LBHEDOFEE L ZRRY, FEFAO R T &ML R
DNN (ZHiE€E 7)) DT (soft target) & & filif5H5 & L
TDNN (EHEETIV) OEEPGTONG. i€t T V%
=D TR EEIA WS [14] X, soft target 72
13 T7% < hard target DA DA GHLE THELZFET
% [15,16) hikbH b, BARNLZHGRZIEZN LS D90
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NV T =3 UDBFHET D, AR LT TIVIERE D FIE
LLUTHISNTEY, NMEBZ DNN 244EET 02 LT
HEAFIT DO EFEH U7 25, hard target TEE L 7-
BE XD EHBEE T NVIGEWKEEIZR S Z DR HEINT
W3 [17,18]. %7z, Hinton & IZDREDOFEE T — X % H\»
T hard target (Z & 57 & soft target 12 & 578 % Lbig
UZzfER, Mg ClRReE 25 SR I L-DITHL, #BE
TIHFEEPPER L CTHIE & 0 5@ VEENE Sz L s
LTHED [19], MERARILEROFHE X0 LBV IERMER)
R TES.

MG 2 N AL VEIGICEAT 2 PR RESI LT
% [20-22]. BARMITIZEISTCT — X THE L7z DNN 2%
fiiE 7L e UCHIG L GO T LVIVT =X E2ZTNT
NEETE TV L E/EET VAN L TEZHAMOEKZ
FHREL, EfETVEYEET S, BxbERIY A 7 TGk
INS KRR EE T — X R—=2 %2 HWT%HE L 7= DNN
EHEETIVE LT, <A 2 LR 1 2 TR
L7285 LILTF — R % HWT RO FIETIHE~ 1 2 O
DNN %z 23 U 724558, hard target Z HHWCEH LZET
VEDHEVREBENE OND Z L 2R L TW5 [23].

3. REFE

RET 2~ 1 2 ] DNN-HMM 0538 50 2K X
ZE 1IRY. REFEEIRKE BB R Z 20T
&, KETERIT, B~y YUy itk 75— X ILETE
12 &0 AR U 72 BB NE < 1 2 R % F W 72 W)
BL TR, ZOWHTHRS VLT —X L HEKREIZ LB
FEHIZEHL TR S,

3.1 BRITYEVIICKBEEYA VDT —5 ik
T — X DILEETE & LT Vocal Tract Length Pertur-

bation (VTLP) [24] X Speed Perturbation [25], SpecAug-

ment [26] REPRREINT VS, LrLAKS, AV
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Fig. 2 Throat microphone
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UIFNT = REPDIRNIGEITT — RIRIC L > THS
Na35F—2EbLRoN5. I T, BFEDT—RIERTIE
FOELBETOOLREMEICEALZIET — X 2857290,
R~y ©Y 7 K BIHE~ A 2 FHE T — R OHRFIE%
RET L. BRI, BITH% [7-9] TIThbh TV
B~y vy s (HE~Y 17 - #Fif~A7) LIEFEHHD
R~y Yy (EEivA o - WilE~-2) Z@AL, K
BEOBLENR < 1 7R EE2 AR T 5. R~y ¥y oo
ETIVIIEGEG Y A 2 LIHES A 27 CRRINER L 7287 L
T—=RAPSENTNREMEZHL L, R~ 7 HORK
wmE ANMES, g~ ZloRESER2EMESE LTE
N OFEEHNREEZRMET B XS ITFEET L. IHEY
A DI SEREY A I ~DRHH~ v &V T ld Feed-Forward
Neural Network (FFNN) X » £ LSTM 2SEXNIZE\N - &
WEINTED [8], AMFETERBIYEYITHET IV
' UTLSTM ZHW5.

R~ v € o 70 & o THER U 72 BOIRENE ~ 1 7 R
EANMEE, WNISTHEMT NV EBEIESL L Tor/BEA
Iy hubE—%25/MET 5 K5IZDNN 254875, b,
R T ~NOVITHHBIEIE < ¢ R E TR S EERE~ 1 JFr
BETFEE L7 GMM-HMM TEEE~ 1 ZRBEEIZSF LT
FRET TAA Y Mo RICE D WTHEET S.

3.2 HMFERBEICLZ2EEE

R~y B 7k > THES A 7 OREE % 52 18K
L - s BT 2 2 L IXREETH D, EROIHE~
1 VRHE E DRICIZI AR Y FEORE->TVWD EEX
SN5. F I THEIRR < 1 2 Hii & T%% L7z DNN O
NI A=RENRT VT —R EHEARGEZE T~
1 7 DEERIHEIGEE S, EEET VO NT A =X
THROURIE < 1 7 RETFE L7 DNN & LU, #i€ T
VSR Y BV TR KRB GG~ 1 7 SR h ot U7z
HHBELZDOT 714 AV MERIZEDWTHEE L7 IEE S
OV THEANIZFEE L THL.
ATFETIIHETE F DN U BB HEROMm & /T
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TV U 72 HEER DA O KL Divergence % H/Mb
TEEIITERETNVOEEEITS. Thbb, NI
T ROEFEI A 7 EEP S U REE 2. 2B
T AT U7z IRD HMM HREE s; DEHEIELZE P(si]z.),
KT BMHNE< A 7 FEH Sl U EE o, 26T
TIVIZ AT UT-IRD s; DFEFERE Q(si|2) & U7z, 18
KEBUILA T DL S IZEHEI NS,

P(si|zc)

Q(silw:)

= Z P(si|z.)log P(s;|zc)

Drr(P||Q) = ZP(si|wC)log

_ZP(si|xc) log Q(s;|x+) (1)

nE, X1 OE—HIIEMEETNVDINT X — XD EEEIZ
BRLURWEOEETES. TN XTI A —XDEH
{ECIIE_HOAZHWTHEERHET S, &b, FH
FZ7U0RATy bV —DREA%ETHS.
RTINS HIE U 7 RO oy %
HEBHEADELETVIZADU Q(si|ny) 219721, F
HIFER Q(s;) & FI\WT HMM DO EARIED HI1HER Q(x4|s,)
EEEL, TaA-F2175. Z2I2TQ(s) IFHMHETILD
FEREHHALEZT 54XV MERIPSHELTHE, 7
I— RIZHT %5 HMM I3 Z 07 51 A > MZEHEL
FEDLHE—DHLDEMHTS.

4. FREHEER

41 F—4%Ev b
AFECHAUZER< 12 (B 2) Ry 230 RD
BINEIDaY Ty~ 2=y RAWMDFIFonTE
D, WET D LINEMNED K EREICHEEKT 25 %2R 5
ZEMTES., ZOMWMERESY A ZIEE O Miz & < KL
TREBESPRAT S8, HIINAIRAT VR %
BHLTHEL. HE~x1 7 0®EMEICBALTHRELZ .
ZA, AEEHZHDOO, IFEFY TR LEHIZaY T
VHRA A=y NEBREIRDLI L TRIFREFEEN
BONDAEEMENE NI &30 N D [27], KRB CHEMAT
LUAME~ 1 7 FF I WTNd ZOME TSI N T WS,
FAM T — X & U TIENRME~ 1 &7 2 BEgh~ 1 & T[RRI
U7 BMaE#H 6 42 X 2 it Faia S A (30 4)
EEHALZ. B, TAMOEIZES 50 1ch DA Z AW
L, WM< 7 BT 1 7DNAFVILF—&E LTI
B 11 A SIELZFHENT VA G A LT EH
(6 i) 2V, WIThOT— X HEH» BTN
BRENTVD, B~ 7 TS 72 B 7 O KB 72 &
FT—AR—ZL UCTHAGEGFLSEI -2 (CS)) »
5240 B FE R MFH U2, §Hli T — R I2i3%EE 5 —
ROFEHEIFEENTOR. B, T — & iz ifBlg
LHIED DL, N 28%MRMFETH - /-,
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4.2 ERAE

HEEMECSET T LO%YE, ¥ 3 — N2k Kaldi
V—=)b¥ v b 28] &, R~y YT OEE PR
DFEHIZIE Tensorflow [29] & FH\\W 7=, HHIET IV DFH
AT TV OYINFEE A D EM T XL DOHEEIZ X CST
T%##E U7z GMM-HMM 2 f\/z. % d HMM REHUX
#9300 TH 5. GMM-HMM I 13 IRIED Mel-Frequency
Cepstral Coefficient (MFCC) %Hitt 4 7L —A$ DfES
U CHRIEHIBI #7112 & o T 40 IRGCIZJEME L, Maximum
Likelihood Linear Transform (MLLT) } U feature-space
Maximum Likelihood Linear Regression (fMLLR) % &
L7zb Dz Wiz, B~y B2 7R E/EE TV D A%
BRI X 40 ¥RIE D FBANK 12X L T MFCC & [HBk D A
B8 U C fMLLR %@ U 72 40 YOt DR EE %2 Wz,
R~y € Z7HLSTM @ =y ME 512 £ L, LSTM
DBIzeMERE (W02=y ) Z2ROEEE Lz, 1,
LSTM D ANIZ#HE 7T 7 L —L2EE LERRIITFT—& &
U7z, AEfEE TV DNN O A e 2B L Cid fMLLR
WAL A0 T OREEZEIEZS 7 L — LG L7z 440
RITDFHEEZH W, EfEETVORNEZ 6 o2
fakE (1024 2=y b) 25, HAhEO=y MIZ
CSJIZ & - TEHE L7 GMM-HMM DAREERUZZE L . 7
U < 1 2 R 2 W 72 3 Tld Stacked Denoising
Autoencoder [30] (2 & & &% UHFRTFAE 2170, T
IZIEfR T ~N)L % AW 72 Fine-tuning %17 o 77.

WHIET ViZiZ Kaldi Y — 0 F v D CSJ LY ¥
HID, 2= NEAHY 1024 @ Time Delay Neural Network
(TDNN) B1] Z 6 ERAY bT—2ZHW/. AN
R 1% 40 YRIED high-resolution MFCC & 100 ¥RITD i-
vector ZFEE L72HDTH 5. FHT— XTI CSI Df240
R D& A 124 L T Speed Perturbation (v = 0.9,1.0,1.1)
WAL TR U727 — X 2\ s,

bR & a0k Fihke LT~ 1 75 /H (§9 6 Iy
) OATEE L7~ GMM-HMM & DNN-HMM #% F2+€
TNETBYAT LEMAWEZ, 20O GMM-HMM (#id 0
FEGE LRI IMLLR Z#H L7z MFCC IZ & - TH
HE N, O HMM IREBUIH 4000 TH%S. DNN-HMM
DASRITCECENE OME X ELEETVERUTH S
2, R A 27 DA TES L7 GMM-HMM 2 & %587
TARAY MERIZEDWTHELZIEMRE T NIV EFRHLT
FEETI 720, HAEDOI=y SMEUTIHIES A 2 DA T
F8 U7z GMM-HMM OIRFEHUZTE L .

MZz<T, W~ 1 2 oiE~ 1 7 NOR i~y ¥y s
EEAT AT ORES/To7. SEET VI
CSJ T%## L7 DNN-HMM % i\ 7z. Z® DNN |3 44
EFNVEEUEEERRD. £/, ZOR#E~vy Y S (|
<A 7 - HEhi~v o1 7)) BREFEORE~ vy ¥y o (#
A7 — WHE< A 2) A LSTM & [F UkEzHb, [
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Table 1 Character error rate (CER) of conventional and pro-

posed approaches

Model CER

™ GMM-HMM 15.1 %
TM DNN-HMM 10.8 %
TM DNN-HMM + Speed Perturbation | 10.0 %

CM DNN-HMM + Feature Mapping 9.1 %
Map-aug DNN-HMM 8.6 %
Map-aug DNN-HMM + KD 6.6 %

UNRITUIVT =X EHNTEEL /.
WINDRHFEERIZB VTS 3-gram SEE TV EMHHL
727 33— Rz & o THE7 100 DFEERAKEIZ R LT TDNN-
LSTM EfEETIWIZL BV R a7V V72T, &N
RREEREHE L2, VAT Y Y IRRIZIE 3-gram =
FEETINOEA% 0.2, TDNN-LSTM SFEETIVOEMA%
0.8 £ L7z. TDNN-LSTM ZFEE 7/ & L Cid Kaldi ¥ —
¥y hO CHIME-4 LY EIZAID, = MY 2048 D
TDNN & LSTM-projection (LSTMP) % 5 J§ER7z 4 v
7 —2 %MWz, 7z, 3-gram & TDNN-LSTM E i
EFTNVIECSIDEERILUAMHALTEY L.

4.3 HERER
4.3.1 fekEE DL

9, MRFIEERETIRL ORI EE2FAIL, g
iiolk. HEETNVOXFHEVHE (CER) 2R 117K,
£HD TM GMM-HMM & TM DNN-HMM (&% 12 3K
W~ 7 EFEDOATHFEUEEEETVEAVEZY AT A,
TM DNN-HMM + Speed Perturbation (&HHE~ 1 7 & F
2%} L T Speed Perturbation (o =0.9,1.0,1.1) %#MH L
THAEL 2T — R CHFY U EEETVEAVEZY AT 4,
CM DNN-HMM + Feature Mapping &, WHIE~ 1 2 K
BEEGGY A VRBEICERL, EEEiv A 2 TEE LY
BEFIVIZATT BV AT L, Map-aug DNN-HMM &4
EUENE < 1 2 FE#E T %% L7 DNN-HMM % F2€ 571
& U7Y AT L, Map-aug DNN-HMM+KD (& Map-aug
DNN-HMM @ DNN DT A — & & HIFA&EIZ & - TIH
W~ A ZRHEEICEIGX B2V AT LATH S, HR< 1 2
HFREOATEE L7 DNN-HMM | GMM-HMM &£ 9D & &
WETHH, AT Speed Perturbation ZEHHT 5 Z &
TRRRENUEL 720, REEORHE~Y vy Y7tk s
7 — XYEERFEZ A U TFE U7z DNN-HMM X 512
FVRREZ R Uz, W~ 1 2 E/HI28 UTER -
TERATDHRFIEICHANTERE U ZIRFEIE L 0 S8k
RBEE2ERTEILDVTE, ThAXRBEEOUEICF
BUEFEZONS. 8, Speed Perturbation DRI %
5 FE% (o =0.9,0.95,1.0,1.05,1.1) & U7=358E ORRGHER
HiT7o720, SEO IHEDHREL LZHELDBEVER
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Table 2 Character error rate (CER) of student model fine-
tuned by hard target or soft target in each initializa-

tion approach

Initialization Fine-tuning approach
approach hard target soft target
Random 18.3 % 98.2 %
CM DNN 10.5 % 85 %
Map-aug DNN | 8.3 % 6.6 %

AR ooz, T oI, AL 2HEY
IZ &k > TEBOEEY 1 ZREEICHEG L2 L TERS
R EOWEF o, EROMHIES A 7 h oG~ 1
I ANDR~ Yy ¥ 72 HWEFEL D EEWEEENE S
nrz.
4.3.2 HFEETINVONHLFEEBEEAEOLER
WIZ, FEEREOEMEETNDNRT A =X OYHL AL
EFBEFHET L OMWREE MG L 2. EEE TV OHIEAL S
#% & UT Glorot ®—#ka71Z & 5414t (Random) [32],
CSJ TH#HE L7 DNN 2 ¥ NS A =& &35 fik (CM
DNN), % U THEFEOHELIAE Y 1 ZREETcHE L
7= DNN 24X 5 X — & &5 5% F5i% (Map-aug DNN) D
SMEER Uz, —7, BEEAELUTERI NV E
HHifs 5 & 32541k (hard target) & IREFIEOHFRAY
EBIZ K B H7% (soft target) &MU 7=, 7o, EfEo N
Vi CSJ THEE L7 GMM-HMM T/ LT —XDEE
YA EREITN UTHET 74 A Y b UZRERIZE W
THEL. EFEONFRVELEK 2107, LA
Ko THIHML L 7256, HIERZARIETIE S < FEEE
ol hy, FEBEAD DNN O8F A —2THikEh
TWaH5E, hard target THEHT 2 L0 HHWVKEENES
N, MEAEOEMEEMR Uz, £72, WIHHINRIA—X
BEHHERA 7 TEEUZDNN 2§25 L0 HREETHS
BRLHEE < 1 7R ETFHE L7z DNN &9 2 HiEAE0N
REEER U, R~ 1 I3~ 75/ et
RTCEBPEET 270 EE BN BERIERPIRE LT
BY, BOIEEE< A 7REES 20 &S RIEE< 1 7 O
BabdBERITETCVWDIEEZIONS. LENST,
HBRiv A 7 EETHEE L7 DNN & 0 & HHEURNR < 1 2 K
BETHEE L7 DNN IZERBRE L T2 REE» S F
FEFBIT2HTEN, TOAMEBEYECEHATERZ
EWNEDEVIEBBNEREE R TEALERDO—DEEEXS
na.
4.3.3 JY—VERIRETCTOEFE YA 7 DRHREE & ODLLE
Bz, FHliT— X O~ 1 7 HE LB~ 5 A
EFNETNORBEEORK 2T 7. WKE~ 1 7 HEE
EFNE LU TIREBEFIEET N (Map-aug DNN-HMM +
KD) Wiz, —J, #EEY A JASEET Ve LTIRAE
&€ 7V & [E UHEE % > DNN-HMM (CM DNN-HMM)
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Table 3 Character error rate (CER) of close-talk and throat

microphones clean speech

Model Input CER

Map-aug DNN-HMM + KD 6.6 %
CM DNN-HMM Close-talk mic | 5.6 %
CM TDNN-HMM Close-talk mic | 4.7 %

Throat mic

i€ TV (CM TDNN-HMM) % H\Wi-. BEE< 1
JHEZEETVIEVWINE CSI TEEH LUK, £ETILD
XFEMOEER 3ITRT. WS 1 2555 ORI EIX
REFEETVEHVWS Z L TRBBEOSEE T )L (CM
DNN-HMM) # AW ) — Vit~ o 7 5% 5H O Rk
EIHBRERIE SN, 7L, X KREETEMREZ
F2E£5)L (CM TDNN-HMM) %Wk~ 7 &H
DPRHIEE L IXRFITEIIREL, SBEELRLIWUEL B
HThHb.

5. B8HYIC

A TIEBEFEDO KRB R RE~ 1 75 F T — X LR
Ty ¥V T EAWET — RIGEFECMA CTHE~ 1 7 &
PSR~ A 7 DINERER NS LV ILF — R L HIEREEIC L B
M%< - 2 f§ DNN-HMM D28 Hik 2R Uz, Hili
HitA LT EF 2 HWZZMEROKE, DNN-HMM %
MHIE~ 1 7 FAE DA TEET DHMETFIE L IR L TH 40%
(10.8%—6.6%) DXFIRO KOHIIWx MR L 7. Sk
BEEDOHHGE TV D> & DHIFRZE D MEE BRI T T OFHiS
ZITOFETH 5.

HEE AR —ERIERIE (16H01817, 18H03260) D
Bk % %) 7=

SE
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