Vol.2013-MUS-99 No.34

BRI AR 29 No34
IPSJ SIG Technical Report
== MEZIO L =3 2R 1R 10 =11, S
SEENAREEESEIEEDETIVICEDK
S0 S I dLZE
RIVFF v RIVEEETH
s AL
HE  ARAEEOh TSR R A YRy TIGET 2 £, £ 05a, BNEHELIOMSE (TV &, M
B OFEEOR) PRES>TLES. COft, OVEa—RICk SR RIEC A%, ok
L, ARTE, MSNES S EIIEEN S HNSHEOREME (=%HmHA) L, av¥a—&icks
GRS T BEINC OV THRT 5. £, BHFOMA RS AR ORI L 75 5 ERT TV
TIA—FDEZHICONTRN, Z0EZHICES X KR ORMEIET 5. X, EREFLT T
H—FOPSAARDOPT, A 7 TR I 5D < MR &, S aamicl L A2 M LR
ERHET ST LT, KNIEE S RRIREOUEIME DN S T LR ENT 5.
g RAESERETIL HEEWBIE
1. IXLoic ERERETY  am = o
P gs B2 P Pl
HRIE, Z<ONCEST, M HETRIEEOEH T i&%g///ﬁﬁﬁﬁ {*[7P__*
51:7~y3y%%f@5.q%iﬁ@¢?Aﬁﬁ¢a nE pPEEy———
EAROAVE a— 2D HRTENE, AOEEAYIET 5 EALBE DRIEHEE

OMATEHMNE SITIEN 2 LfFENS. B, AN—
RV EEACTZEFRERA V2T 2= AT NS &
2CE->TE. UL, TNEDA Y ET 2 — ATl
FIED, RN SR THEIREND 2R E, T,
Z DRI K E LRI D 5.

—77, A&, @S THhNE, BNERUSNOME (TV
o, M, oEEOR) MHCATHRIRNTE, HW
EEZEED, BETHIENTES. TN, HER
BT, NEADPHBASRII A= r—2a v 2157k
ICHERREN L WA S, KT, avEa—2h, A
ISR RS A V2T 2 —AZiRMEd B 721, [FkRIC
FEZEZ D IENDREICEDE EEZAENS.

ARTRE, MEDZTENSBESH 5 HIE 2
(=% U, @A alkaez1s% e osdhico
Wi d 5. X9, BHFEORE A g rsai B O B &
BBERETNT TH—F [1] IKDODWTiHhRBZ L LI
BE SRR BN DR 2T 5. K, BERETIVY T
0—F OMHBOHT, @S a2 IR 2 &
SRANEZ MR B2 HINT, B A 7 R I RS <
MEEH L L, SRR U Ie AR M VHEE L Z

U AAREGEESHASIE NTT 33 2 27— g R
NTT Communication Science Labs., Kyoto 619-0237, Japan
a)  nakatani.tomohiro@lab.ntt.co.jp

(© 2013 Information Processing Society of Japan

Fig. 1 Generative model based speech enhancement
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