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Abstract This article describes results from the latest benchmark tests of our speech recognition system 'SOLON' using 

the Corpus of Spontaneous Japanese (CSJ). The improvement in recognition accuracy using several techniques, including prior 

voice-activity detection, speaking-rate dependent analysis, corrective language modeling, discriminative training of full-covariance parame 

ters, unsupervised model adaptation, and their combinations, are reported. 
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