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In this paper, we propose an Analysis/Synthesis Audio Signal Coder to enable very low
bit rate coding at around 6 kbps, which is a target of MPEG4. This proposed coder has
also accompaning functions such as pitch control and speed control. We have designed
a coder whose parameters are single fundamental frequency and its overtone amplitude
by using constant-Q Transform for the fundamental frequency estimation and Fourier
Series to approximate the parameters in order to realize the target bit rate. Through
simulation experiments, we achieved about 4 kbps for test signals played by a single
musical instrument and convinced its basic applicability of the proposed method.

"EBFRE, N =~ kE TNTBFRFOMRT UV 2 7 F O—HTh 4.



0O #—5+ AESOEE v FL— F O / SREFSE

1. BU®IC

FE, BRICERLOOHZAHEBECLHTE
Z0AaLZ LT, BRERFPHFILIEREBIE
T WNFAFLTEELBVT, FEOALLY, &
BES LR E LBERES —F 1 AFFLEA
FTITEERLOICARNOOoH S VO, Fhex
F—F A FAFEAFEOT T I r—v3 vid, #k
OBEETVF AT 4 TEREOH, INTERNET %
ML VA EHRORKE, Audio on Demand %
FLE®ETFLR, a-FofET A2RE(ISDN, 7 F
U/BEOR + TTFLA) Lo TREAEEEER
Mt s, RO MPEGHFSLicBWTY,
B EEREOEBEAI T ENATVE O, &
DrHK, BREEF-F4 I/, BT
EEL-F=BERETERTILETTLL, B2
HoOBEYHBI-bONLEINRE. Fhoid, 6
21, BEBOAE—Fav tu—), EvFav
Fu—, Ev b=/ @GRAF—5€Y T4 ()
THhHh, BE oOSFOBEREMAEELHL
HEHTWVE MPEGATIRV—TIZBWVTYH, T
NoOBEEXHR-— P T 20RO LATVS
(5)(6), MPEG4 BIZ&E 7/ V— 7IIBWT, F51binx
L — b 6kbps~16kbps ¥ ¥ — v + & L CIEENH %2
XNTWE, KRBT, 205 50 6kbps ¥—IED
ZEL—-FOBEELT, ThITEHRRLEDS
FioBW TR SN TEL-SESE, XABEKM
B, SSREOHK D) rEALTTY VY FES O
W SREE DO —FRICOWT, ERNTRI Y
FholRIIOVWTHRET 5.

2. BRFENEXHEZ

AL, HEINL SR ZOERF P, BE
HOERBIZIOVTH, FOEFLBETHI LN
TEL. ¥, EERRIR. BEORBOMKLRERE
HELICHEBROERLSETEL., ZO28HEOH
BOSHE - DRTHEMY, FEABRPEFLRMT
Hr. F—FAAEFTOHE, TEDRILEIR
2, BEABSERARICELSTS. ZOoFRHER
Lgse s L OB R, BEY Yy FL—+FTOD
F—F 4 FEFHFF~OFIAEIIE . £ T
ANEE»S, FFEFHE - 8L, STFEORK
FROHLT, BBty sZ L2 HEET.

2.1 BEAROBE

BEFETE, RERNTR, 2EFPTEEINL
EROESERETEADNIC, ANET LS
Wi L, T A—-% kB L, 2Tk FEFI
LA, SEMTIR, SEESEET L, SRT

Input Sound Source Model Based
Separation Parameter Estimation

Output
Quantization
and Coding

& 1 OFF /| BRSOy 7

3, KFEOEALE 7Oy JEERLCRT. B
FTHL=y FORFEDOBBEIC DOV TENS.

OES TREE

BRESNINTA—FI2LoT, BobE8RFEN
BHIRZ D, AHESIR, &#BHTLIL, £h
FPROSHFERHULALELZTI 008N
5. ‘

@ T NWKIEINT A — Y HEHS

BB AR FHEIEE LN T A5 O
ENLEND. EELSBRESLIDOETNVEEN
5 A—FHFEHSE, wbiE, ANEFPLLHESL
NI A—F e BT HEFATRSLMUELT S
N3, AEBHT, SRENLGAEREFTE T4 —F
Ny ZTBIET, Kb TFA—F O - #E
B bhE, BSOS - N5 A S HEERDI
i, FRBARSDP ORI X=INFEIONE.
Q& Tt / FH{tED

O LHEEEET IV

SEANT 2 - OMBAKCEBLT, B/
BB LTRSS, BANIKR, Sxoh
ADEBIL > THLLZTAX Y VR OMMELE
g+25 6 T, BCHBESRILAT A=
I28MEBILITAXIVIOREYIEL, &
BESICL>TIAZENTW LR WO “RVE
B BERYRECT P OB S,

QFILEH

SHEFERLMTIC, ADEFTPLNTA-FHERY
it 5.

2.2 RFENEHH

BEE, UTOBRE~OIEREEFET 5.
@AY —Farvtu—)

ERU7E i, REFETR, BRESITA-TFL
LT, *0EEKRES LRE, LHESHESINS
A, ANEOMEEY X7 s, MHOEMIHLT,
XIILHBRTLEVESRTWALD, EAINT A—
FELT, br8EF0HBEThoTay 2 UL, B
WL IRIEHE RO A 5 FEARITF BT A-F L LT



Input
Signal

Fundamentai Amplitude,

Pre- +
Analysis Frequency P Phase
Estimation Calkculation
Synthesis
Output
Signal Quantization
[Syminesis J—{Bocading }—| -ans
Coding

R 2: RESH / SBFFBE Ty 7Y

RESH, UHAERRE 7Oy 70&bhICEHER
NT, Ny I77ICREEINLE. 2%, 1 —TH
EETAHAANICE W TR, SAOESEMSIIE:
h, A¥—Farru—niz, Juv s B3 EE+
ZIELTESICERTES,
@ty Fariu—in
EyFarbo—id, b LBk s x—%
REBET LI ETERTES.
3. BEFSIETALIVIL
AFHEIRO), %% (musical tone: EB/IZ Lo T
HERLZE ) ICB 2 AERMEICEEL, MR
LAl BZnBHOET(n) R, 120%KE
B fo LFDREN X fo LIl THEShATY
BEVIRIDEFNVICETVT, 1EFOFLEK
DBRELNRT A= (ERBEYR, RUFOBEOIR
V8 - fLAROME) % s - FBLL, SEMIERT
2. AFEOTD vy FHER 21, REOHAFLL
TR T.

N

T(n)= Zal(n) X fo(n)sin(gi(n)) o

I=1

1. FRES BT

FFT Lo TANETORERK S HET
A. ZITR, BTo220FECow TR
T3,

QRS FRBIEE ¥ BT TwW A
BB SHT I BT % e SRR R L B R
DHEBEEMRT L7010, FTHREREEYE
fEd, 7V IERLET. 7 1RO
HERLY, ANBESCB T2 \EL Bk RS
DHRCEEE fim ONBEREPICHTET S,
ZLT, fim DEBICBNT, BRGQEEEX
DHEOHAICL Y, ART F5 a0 0EK
B OHBEHE ) 2475 wByoy s
RERIRYT. BWICREEFEEANRT T4
¥, 2TERENZFFT ARZ hudio &7

O F-F1HESOEE v FL— F O / ARSI

e 2%t n fn

u{m) olm) AIA.
Low pass Phase Regression
T a1 &

X 3: DFT & $ %R AV 28 kB

589, BBEEEBIIBWTY 7 FE&EL, 2
DI > TIERONIEZEHR DL, 0—I3X
TANTENLIH, Fordr 7)) v r7ns
2179, MESHBECL-TRT AHEOMED
HELh, BEBEBETOES Af,»EEE
N, TNEPLEE fi, KAk £ viEE
PLEEBKET A, FFT E4E&ZBEYHV
R2BREREBBATOFEICE> T, HEL R
R FTLENERDD.

@ Q & 02 1 & 2 0 MUE I 3 i

£ Q Z# (Constant-Q Transform) 1t, THEE
FOGHITBNT, 7—)ZEHRI ) bHED
TEERLLTHLNATWE, FQEMII, 1
EDBERBESICHLT, BEORKTELA
BEVL. flad, BREESOBFICEVRE
Rz, BRERSOBITICIE, SuERE
R HAEBTILENDL. DFT EEQEBODIL
BERLICHTE. BETLI-ZO20%ER, B
B LB THEHIIH 6% OESH ),
W THEZEDORINICH 3% OREELLELT
5. 14275 —=71, ROEEILENT-T
BY, ETOLEOENICE, 20D 24D
AR MTAR 1A S —TEOEHETLNE
HFhHhH TR, 1F7¥—T %24 0FHIC
SETBEETHY, 1/24F Q THIZ, 1/24
TANTNRY 7 IIHET L. EQERIT, wik
BEBRMicB 22 EREERBIFTHY, 58
#HEESTFTICE 5, XBT7 VT X4 03)
Ko THARENTRTH S,

2. BEXEEBOHE
FHOWNFECS U TR ZAHEYRBVS. L
T, BB ZOBBEICOVWTENS .

- DFT GBI L 2 K

L EEREBEE (fo) B4 (f,) DRAMEE fonin,
BARMEE frar(S ¥ TI Y 7 BB /2) £ L
T, fmin <fir & oz @ﬁﬁﬁﬁm?v fO DY —
F & Btk

2. BEAFBBAEN £ 22T, Bk
EDfr2fr 0 on x fr OB ACTET LD

f



OA-F« FESOEE v bL— 347/ ERTFS{E

F 1 EQERLENMT — ) IEROFHELE

E] ZEQER STFT
r BEOBEERS | 2 - foin k6 f
WHRETIZ (W) | Nk| =®ALE | N(—=)

R -Q/ fe(TE)

MR fx/Q(TE) BRCEER /N(—E)
fx/6fx = Q(—=) k(TE)
Amplitude 4
'
(
i

w(, ) AW
N
\ f,4 ., fha,
&3 i b
l V@
! 1 1
} } :
*h e Freqeci

; }
0 f\ 1,

4 EAFEBHEEHIX PRE

12, JEOE 2x A D=ARO 3R PR (G(f))
EEET 5.

N
G(f,—)=ZW'|m'fr—fn['ﬂn (2)
n=1
BL, Wik, EAMITHEE fuln=1,2,---,N)
i, & hi N ROFEBREBRTTHY,
AR LHREEND.

W={1HWWWL—MSA

0 otherwise

3. AAMAKERKICTS f, ¥, EXRBEK
DHEEBETS.

CEQEBRIEC L B HE

FRES A BBERKAS LI 7Oy P LR
W, SRAREBR S EETON BB REE L
DR (A 75— 74, BREBEEKSOE
CELTHIC—ETHSD L) BERN (B S)
ERIAT A, TR, EQEROER W(n]
&, FrlEET M pln] & OMEAHMMK
zcorr[m] kE#HT 5 (4.

N-1
zcorr[m] = Z Win]-pln-m] (3)

O<nzN)

(n] = 1 if n=1,25,39,49,...(Q=34)
pi= 0 otherwise

it Dy= log(2l,)- lox(f4)

Amplitude i
1 Dh= log(20,)- Jog(f))
{. / R
‘> ?‘_-‘[‘ ‘: '
° I8 i, 3, af, Sty 6L, Log Frequency
3 EI T T TR
5: KEDHREHE
pln] = 1E%BnOMBALA2 5= T2

LT 5. B zcorr[m] WHEAMEL L5
Memar B H O BREBRS P ERBEBEOREN
BHE b, LRO2ODFEICLIFHER
DERYRT. (M6, 7) DFT EHRBHEEIC
L AFETIR, TEWVRBG2EREFEO R
bOD, BECBVWT, 1A —-TERVER
HET20wbWarFry—7ITI7-DRAHLN
3, ThicxlL, EQERICLZFETR, &
EOVENRSTBRVWTE, ZITZE£7L—-AK
BOWTHRGLRHEREBLIENTEL.

. ERFBEBR U EOEEORE - AHEOE L

EESFR 1 LABKOFET, HIcT HELERK
¥ fo DIRIE 0y, (40 @, 2 FTET 5. HH IR
TeNG A= L 2ERETERD, ANEF
EOESLYVBREETXEIEL, B T2#&F
(BB 2 % fo) DIRME az, L4H @, 2FHE. 2O
NIA~F R AVWTHBUES AR L, T0RK
EEFYIHEL, TNExROLEEEIT n -
1 a0 R, BEAeicid, RIE & AR RE
BELBE f; OMEES ORFEMMEK LA
By DI LTRT D, MAMEREORMNESY f; O
iR0% a; 12, argument OB S, TH
5. :

LB AR TA—FIZEBER

ETROANTA=FITLE T, UTOHA Y
WEF ML oT, Gk z(n) £7THT 5.
N

z(n) = 3 a(n)sin(éi(n)) (4)

=1

B HFEHEAFREOMHE

®o -0 ORKFRBIE, REEFLEUA
HESLLT, 1~40FHE#HENEL, KD
HEa.

CARVE/ ST A — & Dl

EABBEE fo b, BRBOMAFEINT A



O A-F < AESOEE v L — 547 / BRITS{L

Awplitude
>
B

§

i

1

[4

[
Amplitude

INPUT

INPUT

Prequency

Transmission

oUTPUT
A’ (n})

Yrequancy

CUTPUT

Mewrye Lok
L]
om |-
o -

—
s -
—

s -

— ——— @ scem
e -

-
—
200
— - o em eom mm
— o s
L —

bl )
o . .
L] - e - = =m =

Prome—itwmer

B 6: BXRBBEMOKEEME (DFT L QB HKEE)

Seryeloh with 1 (9

oo ol e N E ot P s
og ] Drr Fmmcmmaaa
NS Xn) Dk} X (m L2220 ] ae )

X 8: DFT 2L %85 XA — & Ol

! Header

f,[K{mmlmulm)} ----- ‘mxa)lubu «,]---J

Parameter Set of the first frame(sound signal)

Second frame

uze T
-
———————
-
—
——
L B3
—
a———
o
=8
—— -
—
e
em— -
° " s s
) £ mn

B 7 EXAERORERAR (B QEH)

B9 ¥y APy =AM

k> N/2Th% kit LT, D(k) = Dx(N~
E)THY, X(nfo) OiEbl X'(nfo) i,

N-1
1 .
X'(nfo) = 5 x 3 D(k) x e/*+=0/N (7
k=0

E2h. REOREK * TiF51oh THEM
DHERITIE. BTICLBELZRTA-FOK
H, BESNIXAREROB S CKEL TS
D, foWBVHEE, NSA—F ¥ EHET

i,

T0FTERFL - FELLTEET 2.

STHB. 3500 ANNVILUTEERONS LT
& fo = 111[Hz] DB, EEOKIL3L &
b, Rl — XK 10kbit/s BEE L 2 5.
FIT, WMBANT AT 2 RAPT R L2 E X
. EPFHEL LT, FEXAEMOELELEZE
L7ohs, RBMNBUHLZ L2, 7—1) TH/K
ERALE O, FHEELTICRET.

1. RIEE X (nfo),(n = 1,...,N) O3l %
e, 7o) IEREPKT. EET- IE,EK
17l

N-1

C(K) =Y X((m+1)fo)xe ™™ /N(k = 0,1,..., N1

m=0

)
2155, X(fo) W, EETHY,
Clk) = C*(N - kyThsr. o%h, @K
FIORIHE C(0),C(1),---,C(N/2) 5, #H¥D
C(N/2+1), -+, C(N —1) 4k T LpiTx
70, BRICLEL/NT X — 5 RRHEFIOF
2O N2BELD,
2. N2MEONRTG A—g%, K(< N/2) B
T A= FTHEET S,

0<k<K

otherwise (k< N2, K < Nf2)

(6)

7. &b - oL

4. NI A -2 BRUZERDEE

Mo, AARDY Y b A b Y — LK 22T
BELNT A—51, 70y s %720, BREEH
B, EMORE, BEOME(E1E FkE) (£~
5, RIEH) THE. ABMTIE, FEL— b=z
SLBNOEHERL - T2, BELONE LY

42170y 7 OREE%0.024[% /Block] & L 7.

-
(-

DE, BEET 5 6kbit/s DIEELV— M4 EHT S

oitit, ¥y,
TH2LERDD. 5L — Fid,

144 bits/Block O #LE T 51k
1. EAREE KD

fE, 2. RIEOELUDORY O/ 2 — 5Tk &
NB. BENTA—y OFFEIR, F4DB)ICHRE

L7,

KEE LBAFS L=t L OBE TR ITR

T. BT L-L0B0T, Lo, Bkl
HHZ) MBS, REOMIR05MBICE 2L K
BLTENRTA—F i8I STy i, &40

WY TH 5.



£ 2 BINT A— T OFHBE

NT R —F BE | &K
EXBEI folH7) 50 3500
7V BBORK K 0 31
7= RHME—H 0 255
R(0) = C(0)

EAES"1:¢ N5 -64 63
C(k) = R(k) + jI(k)

# 3 REK EHKEEV— P OB

TN IRBOKRKK | BAERV— b (kbit/s)
2 1.8
4 3.1
6 4.4
8 5.8
10 7.1
Fd BNRFA—FICHHN YTy MR
INT X =F ¥y b (Bits)
EXRHERK 12
7= B DHE—H R(0) 9
7= &% R(k), I(k)(k > 0) 8
TV IRBORMK 5

5. F8{tvIaL—Ya R

FAMES L LTERLBEKSEHz O, ¥HO
#2272 B HEEF (clarinet, harpsichord, trum-
pet), WHOKRD L2 EERET (haydn), B
HEEDEFEES (german speech) X W HF5LE
BRxfTieo7:.
5.1 BREHEMOHEE

D 14, B 151C clarinet, german speech{g 5 ®
EXBEREZHERTAT. §ER, FHEROHE
Brh, EQEBRICIAFEFRALL.
5.2 IRISED 7 — U THRMIC L 3R

LAY, AEARXOFSMLV— iR, 7
VoLADEABREROEELERL 7)) TREOK
BEKCHEIETS. 230, BRKOERBERI A
HEND &, EEOKNS 2D, RZENTA—F
KizE s, @16, MITIK, 70y s %ih o
BN A —FD{EE V- FERT. K5I, &T
A MEFGOFHEEL — FERT.
5.3 ®HERKHIIHO>WT

clarinet, harpsichord, trumpet® O BIND KL
Lo THBEINALESE, EHL— b 4kbit/sfT
FEILBWT L, HLBEOHENGONL. HE -
BERLAES+EEFLIBHMICHELIHERY
FOITRT.

&5 ANETLEOFS{LL -

AIEF B L — b (kbit/s)
clarinet 3.42
harpsichord 3.79
trumpet 3.79
german speech 9.04
haydn 4.92

£ 6: @AHET O LB K

U TMES | ERaR
clarinet 1 AXFER/ 7V —ATH T
trumpet 8L
harpsichord SERETI, BHOBMABIIRETS
BREFHER, BRY 2V,
haydn tPHTOy JIBWTHEHERZFT >
Ny FOFOLIEDIS.
german speech | AEOEMITTEE.

5.4 #EiR
o WIHOEB P L2 AES T, ETEALKE
Hns b0, BbEERNSA—FOMBIR
‘B3R ENTWVES.

o =4 A+ FEF (haydn) i3, FOPROES
CBWT, EELIESTHALIF7 YRy D
EXHEESAFTLER TV LD, HF5mE
BRE—0EAEEHEANZEHIIRVVERY
5.

o EEESR, BEBROEHFKREL, TRER
BB LEMEL, FLOBEENTA-FL
LCLEET 270, EEV—- M7 A ME
SrHBLTE ko7

6. X&&

KBTI, BYy hL— YV FESLEESR
TEGH | SRASERIREL, ZOBBEIIOW
Tik~<7z. $£72, ANESHS, RLBEELLEE
EhaTrMBL, FOERBEKEEEL ST
A=F T HBEY Y FL— MEB{LEEEIRRL,
EQEBRICIIERBEEOHEEL 7-1) TR
L BNTA—FHBELEAT LI LT, 6kbps
FEOEX L~ P ERTHH 5B RET LA
Yialb—varvEROKER BHMORBIOLRE
AHESIZOWTIE, 4kbps LTOEEFHILL —
FEERL, EBOMMICLoTHE, HIREOR
ROJ|EESIBoR, REAROEFHELHIAL



To. 7273, AFETHE, FONRESTR, BENBZ
LI REFIEOVTRE, BMoEBR, bR iEST
HoTh, E7U v 7 ItBIT22BEBLROEEY
BACOVTRHTALENH S, LFRA%RDOE
HisTn.

« BRFR0%R
F=FAX - VBNEROREICL 5% 2,
BIDBFFIHRT .

e ANNESOMA L, EEFHRIGLT, #5
L8 & BT 2 FSLFBRAICOVTORE
REFELFHREITBLHEL, EARI LT
LESDEBERE FOREME T XA -5 LT
B HEALE (1) RUBEGESFS{LE - OM
ErHA5.

o FAEW L HBLHEFOEA
TOy A, RU7Uy JHONRT A—5EO
HEBFRICOWTRET 5.

FHRIE, N —N—KRBEEZBL TR O
Thi. AFEOBELELTT R o= BiimAL
BEAREEHR, N/ —/¥—K%¥ Musmann Ko R
WMHALIT. 37, EQEBROBREHE/ 0r5 4
TRE L TT & 57 MIT media Lab. ® J. Brown
BIRICBHMELTT.

BEYM

(1] ME % “BEFSEROREORE", HE
BEEFRE, 48, 1, pp. 52-59 (1992).

[2] M. D. et al.: “Audio Compression for Net-
work Transmission”, 99th Convention of An
Audio Engineering Society Preprint, 95, pp.
D-6 (1995).

[3] M. B. Karlheinz Brandenburg: “Overview
of MPEG-Audio:Currnet and future stan-
dards for low bit-rate audio coding”, 99th
Convention of An Audio Engineering Society
Preprint, 95, p. Preprint 4130 (1995).

(4] B. G. K. Brandenburg: “First Ideas on
Scalable Audio Coding”, 97th Convention of
An Audio Engineering Society Preprint, p.
Preprint 3924 (1995).

(5] ISO/IEC JTC1/SC29/WG11 MPEGY4/443:
“Requirement for Low Bitrate Audio Coding
/MPEG-4 Audio” (1994).

O 4= 51 HESOEE 5 b L— FHH / SRESIE

(6] ISO/IEC JTC1/SC29/WG11/N999: “MPEG4~
Testing and Evaluation Procedures Docu-
ment” (1995).

[7) MR B “arYa—- s B EREN, £
FHHR, 94, EA94-28, pp. 23-30 (1994).

(8] C. Ferekidis: “Entwicklung eines Modells
der Verdeckungswirkung des menschlichen
Gehors zur Irrelevanzreduktion von Audiosig-
nalen”, Studienarbeit, Institut fiir Theoretis-
che Nachrichtentechnik und Informationsver-
arbeitung, Universitit Hannover (1993).

(9] H. Hesse: “Parametrisierung der Spektren
von Einzelinstrumentsignalen fiir den Einsatz
in einem Analyse/Synthese-Coder”, Diplo-
marbeit, Institut fiir Theoretische Nachricht-
entechnik und Informationsverarbeitung, Uni-
versitat Hannover (1996).

[10] =HBE &5 “BEELOE, BTHREacss
£ (1980).

[11] S. Kay: “A fast and accurate single frequency
estimator”, IEEE Trans on ASSP, 37, No.12
(1989).

(12] J. C. Brown: “Calculation of a constant Q
spectral transform”, Journal of Acoustical So-
ciety of America, 89, pp. 425-434 (1991).

[13] M. P. Judith C. Brown: “An efficient Algo-
rithm for the calculation of a constant Q spec-
tral transform”, Journal of Acoustical Society
of America, pp. 2698-2701 (1992).

[14] J. C. Brown: “Musical fundamental fre-
quency tracking using a pattern recognition
method”, Journal of Acoustical Society of
America, 92, (1), pp. 1394-1402 (1992).

[15] B. Edler: “Technical Description of the
MPEG-4 Audio Coding Proposal from Uni-
versity Hannover and Deutsche Bundespost
Telekom”, ISO/IEC JTC1/SC29/WG11
MPEG95/0414 (1995).



O #—71 H{ESOEE v b L— L OH / SRESHL

P Y

X(n)

<

rrrrrr 11

O = MU A oo ou o

T T e

10: kB K 12 & B iRIEME DA (Original)

Xi(n)

J
35

g~ T

»
200 IR v ”n 2 - ""‘-"‘k
100 4 4oy 8 &2 2. sed BN . BT 2
)

0 1 2 3 4 5 6 7
t(s])

L R PN

HJII,HJIJHIM

B 11 k¥ K i & AREE 0 RHL (K=8)

X(v)

15: ERBEP R EHER (speech)

— — » I8
o [ S [

Datenrate [kbit/s)

v

T~ T v 7 17T 171771

L T NS

g

12: KB K 2 L 2 RIBE DAL (K=4)

X(n)

gy

13: RE K 12 & 2 RIEME 0EEL (K=2)

35

o

o
(=
o
-
o
~
~
o0
o
w
oo
»
»
o
w
~
=N

t{s]

16: vu v Z H7:h) OfEH¥ L — F (harpsich)

30

~
[y

Datenrate {kbit/s]
oS

S

[
(=]

ou«
0
048
096
1,44
1,92
24
288
336
3,84
43
48
5,28
576
624
6,72

-

17: 79 v 7 %470 DfEk L — b (speech)




