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Fig. 1 System Overview of the Proposed Method
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Table 1 Results of STOI and PESQ evaluation of speech
enhanced by each method.

TR STOI PESQ

AR L 0.413  1.849
BLSTM 0.521  2.306
MNMF 0.481  2.060

DTLN 0.521  2.323

SEGAN 0.486  2.099
BLSTM/MNMF 0.519 2.273
BLSTM/DTLN 0.524 2.332
BLSTM/SEGAN 0.518  2.280
MNMF/DTLN 0.519  2.282
MNMF/SEGAN 0.486  2.084
DTLN/SEGAN 0.518  2.289
BLSTM/MNMF /DTLN 0.522  2.295
BLSTM/MNMF/SEGAN 0.517  2.262
BLSTM/DTLN/SEGAN 0.522  2.313
MNMF/DTLN/SEGAN 0.517  2.267
BLSTM/MNMF/DTLN/SEGAN | 0.521  2.289
e 7 o3> 7 0.522  2.294
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