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77 L BRBICERT 2R —-KE2AWT, BREBEEZEKRT . ZREHUIRANVARY basJ L
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PHARRZ v 075 A L CEERHZITI *y P2 2RET 2. BEFETE, EHINLLALZIR

7 bRy IARTTEL, BFEEHRDOX R 7 THHAREZERERD WD
Ra—XZ2HWS LD DR WVILEIR ] CTHERD BRI EN

HETHZZ e ZRLT.

1. [FL®IC

End-to-End & 583 5 BRI E 2 EHEL 5 RINICE
BB RT L THY, IEH RS THENE ST,
72k D DNN-HMM A 7'V v REFILEHERLT, &V
FBEZZERLDDOH 3. End-to-End &5 idak D KI5k
& LT, Connectionist Temporal Classification (CTC) %
AWFiE (1] %, RNN F 7 V7 a—9 2] REEHMEE
T L% Fl\W7z sequence-to-sequence (seq2seq) E 7L [3],
Transformer Z W2 E TV 4], [5] REDBETHNS. L
L, TNHDETNLOIIFICIEZ OERF L ZDHEEE
CLORTT—=REREL L, FHRE R XA Y OERR
ETWIZ WG EITIIMEE 2 5.

AT, HRFEXA VCHELLERDORVT F X PO
HBDT—RIFZLAFTELZENZB VD, 7FA b
DEDT—XEEHAL TS — 2D RZHIRTE S
AIREMEDS D 2. AARTIE, TOEIREFERZHVWE
BRRMDT — ZIIRICERZ Y TS, ZORMEATIE
HEAREZHWT, 7¥RAMDEDT =L EHEHT —
ZEAERL, The BRER L AbHE THARM DI
TR L, 7—&¥k 6], [7], [8], [9], [10], [11], [12] ®°
X A V@G [13], [14], [15], [16] R EWCHEHAT 2. 20
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. PHEERD S, RRTFIEN
L&IRL, 7, BEREROMAILEIC

BRIZid Tacotron 2 [17] R ED T F A F R 6 X )L AR
7 b0 ro nEERT B text-to-mel & v bV —2Z 2N
END. ANVARY FRT T ARG RICHEH R
DAlFRT — 2 & LTHWSFIZIE, FIZ=207 Fa—

FWHDEH. —DlF, FOEERUHZ LITAILARY b
0ro AR ERE, BRRmOIET -2 LTHWSH

i [6], [7], 8], [9], [10], [11], [12] THZ. &5 —DDFIKE
RIA—FEHANT, XVARY bR T T LD LERFIFICE
L, ZREEERANVARY sa T MBI, S HD
AT —RICHW2dDTH S [6], [7], [11], [12], [15], [16].
Ra—KEHVEAEL LT, EFEEENTEZLTHE
FRi e B AR EMAICHETTE, £, BFT—XO
DAL U THEROFIRAE . ZOHFIETIE, Ka—
RIFEBEDOBRIIEY L TART I ENTE 3.

L2 L, BRRROAMET —XDIDICZRBDT —X%
BEREIGICERT 20BN D 5720, SROEHRL LTHR
SRR 5. RFFETIE, Ra—XEFbITICEK
ENFRNART b s AR EERHAT 25y b —2
PRET L. BEFEZ, GREFR ARG OAZR L
»iHZeRHNE L, Ra—XoRbbicHwa. R
ARZ W7 T A LETHEFAZITS 28T, R EELTWL
HETS5Ra—X L, AREEHRIITD 28N TE
5. ¥z, BEAROX R LEUSAIREREFR DT ¥ 2 b
B (BRI ZHOTHAOX 5 R 2WEEITS.
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2. BIEARE

ARIFFETIX, B DAl T — XIRD 7= DICEHFE
BEHwsd. RETIE, KR THV 2 EEAROMHEA
Y 57— RYERICEA L 72RO W TN T 5.

2.1 Text-to-mel %Y kT —oARd—4

BREMREHEET % LT, text-to-mel 2 v bV —27 23R
A—=HXDZODHy PT—=ZIZHITHRT 27 Fa—F
DI HVWSERT WS, text-to-mel v PV —27TlE, &
R(DD2VIEIXF)RINEATTEL, XVARZ a5
L% i} 3 % Tacotron 2 [17] % Transformer % 7z
ETN (8] REIREINTWVS. ZhbDET VIR
ROFEHIZET L EHERL T, fRRET L TEVME
DEFREERT RN TES. £z, d14E, FastSpeech-

2 [19], [20] % Parallel Tacotron-1,2 [21], [22] & W\ o 7z,
EEICERATE BIFHCRERET AP RREIA TV S.
ARWFFETIE FastSpeech 2 b 2 ICL72ETLVEZH WS,
FastSpeech 2 TIEEANBERIIH L TANLARY v rro
LD X% variance adaptor ¥ FEHEN 2 EY 2 — L TFH|
5. ra—RiZko THADNERIERE, TH
SR EIDEFEERZITV, Ta—&XTXLARY b
72 LDOTHI%EITS. variance adaptor TIXHHFHED A )L
AR v AT T LIIRIETAEIDOTHNIIMZ T, FO
R = Vo - EEERS THIT 5.

text-to-mel v b7 —ZIZ K DEREI NI ANZARY
reZo A LEFRERERa-ZEHVTERT 5. R
3 — & Ti& LPCNet [23] % MelGAN [24] 72 & A3 80 &
DEHERR =, VWS TWS, UL, XILART bR
7' N B U TEBRBIBEY > IABn% <, IFEICE
WRINIRICR 2729, #HERIIIMRR L LTRRZ 25 5.

2.2 BEARZRAVCEERHROT—FER
FATHRICBVT, SRS EHERMMHVWS 72
DO FEXERFEIBFTEINTVS., =/ [13] 13H
(B W EERMOFERIC Ty a— X2 HH L%
WZRRRE L. Wang 5 [9], [10] XFEREF L AE
EO—HMZRO7DDIERHIZ O W THE 21774 - 72.
Zheng & [15] (& B FH BT 7LV D ARHREL BRI H 8
DTFaA—XDEANLD 7D DHEKEBEZEA LTz, Fazel
5 [12] ZBFAEROERR XA VOEE, 7 — XiLkE
DERBER DM, BREHOLYaA—X DT X=X
[EE, 7 XA—=2DIERbR EZWT, BERERIZH:
BAIEDIRE #1772 o 72. Chen & [8] 1% GAN % T
BRERE OGEN R ZREZ BT FELZEA LK. BH
516 I EEREFE L BARAERED I ATy FEEMT 2729
WCEFREOD T > 3 — X DHEIIZ mapping network % & A
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L7.

3. REFE
3.1 R=ZS1VETIL

BRARD text-to-mel v b7 — 27121, HEGEH
DHIHTEZF Y PV =2 &HVE. TRBIFIEL
bR TEh, BF—FEHDETFT L LD BILROMNMEIE
W (6], [7], [12], [14]. BEEGEEE D text-to-mel €T,
#E ID W ET L [14], VAE 2V ET L 6], F
HiEE LG & DE T V2 W5 S 27 4 [12], global
style token OFIA [7] 72 232 S5 28, AWFLTIIFEE
ID2ERLEDICHEAAMDODANE T 2ET L EZHVS.

3.2 RAEEARY FOJ 5 LEHR

BEEOBEASMRDZ A7 TX, Ra—XZAB»HE,
FHMECE 2 K5I T3DICHWSRS. — T, BHR
O F — ZIIETIX, Fa— X EFERRe ESFAK
THWEANVARY v a 7T ADOFREDEREWET N
EHETEIHAEDEEDICHNSGRTWS., £z, K
A-RIFEHAREE L ARESROERLEY, T —&24E
PRRHIC E R MERE OB 2 T 5 2 e TE L. FHEITR
I—REHES T TANRARY bad T AERT TV
bOPWEINLZ e 2R L. LrL, Fa—Xoif
e, SORKEREIEPOHURANVARY varT MIE
P 2EDDH 27, RENIZT — X ERICRVIREZ
PRI 3.

AFETIE, Ra—XxicbsH#RoENLry VT —2
DIREEITS. BBEAXA Y NV =7 TRERINIZ XL AR
b aZS AL ERBIETIERL, XAVARZ brsS
L% )15 % mel-toomel v b =2 FRHWS., ARE
NI RXIVART bu 7o LR EERERT 22T, #Hanr
HL T3, AR bur T A LTI ERTT S RO EFH TR
T, EEEDARZ M u ST A LUTHEHAZ R,
FEZEZLOBERZREIZEEAFIE L WD, sz
EHTERWV. LH L, HREAOHRRIZERERZ AW
52 THETLIHALNTED [25), [26], BHAAMK
DERATTIIBEREROERAIRETH 2729, KHKTIE
Hdihghi- SR HREAVS.

1 ICIREFEOMEZRT. RFIETIE, F3 Fast-
Speech 2 ¥ E#1TS. FE1%IE FastSpeech 2 DT X —
REBEHILZWV. R+ Y bV —21% Transformer %
LiZllzry V=2, FEEEE L THAZITS 29,
FastSpeech 2 TTFHI XN/ A N AR v ul o L BHER
1HHRD AT D 72912 variance adaptor D EHAWS. %
7z, HAERCIIERE T vy 2 AV S, IBREBICIXIER
ANVARZ bR T T LETFURANVZARY v a s 5 L0 L1
{85 % 3. FastSpeech 2 T¥ [Ak#IC L1 8% W3
M3, FastSpeech 2 TIETF A MDOHANART v AT T L
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FastSpeech 2-based

text-to-mel =y ko —s ez mel-to-mel v T =7

X}LZ/\°9fI~E175L\

Post-net
with FastSpeech 2
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ZRiER Transformer
(variance adaptoroi77) 1T JOvy
1
1
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4 i
Variance i
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EE
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5
1
| Sl
VXL AR RS L
i
1
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1 REFEOMIKX. (1) FastSpeech 2 (2) ##+ v bV —
7. BEFETEERINZRAVARY burT L BRIEM
(variance adaptor DHi711) ZHWV 3.

DOFH & [FRHC, RS Fo, 7 —OFHIb 1T 5 EHE
HEETHBREDDH L. —HT, IR Ay U =27 FHl
TNTZANART v T A LEREILETI 120, &b
RN Ll BReR/MET 22 e 2R 2. £, &
FEIEHRMD A1 D 72912 FastSpeech 2 D variance adaptor
OHNERNS. B, BRLXALVART F T T LAD0R
YR E 7 553, FastSpeech 2 @ variance adaptor T &
PHEE LT, JEBRT 372, variance adaptor DI TH
B ERBEMOEDIABIIRINIEDANVARZ v a Lt
FLIZk 3.

Ra—XzHVa58, EFEEENTLIETAL
RARY DA T LDBGER B bl WV 2 REICEE T
x50, IBEFETE, HAOXhEALZAR vrdT L
DFEERDOETIZ L RV, TED Transformer % W
72EFNMIE CNN ZHWT, 7L —2%1 7L -4
LTHRAST2EMEND 57-0, BHitae BEHamMD XL
ARZ Y RT T LADREDARIIEDL ZENTELLE
ZABHNb.

4. FHMERER

4.1 T=2tvh

ATRZECTIEHFE L HAFED R X A4 VBEIGOEEREITS . H
FRDE A A E E R e D E 7L DOFIIIE LibriTTS [27]
& LibriSpeech [28] ZHW\%. LibriTTS i& LibriSpeech @
P TaA—RATHERERD R R I ENZd DT
H%. LibriTTS OBFFEX Y % > P z2iTw, 16kHz
DY TV 7L —rDOEREEEEZHWS. LibriTTS &
LibriSpeech TiZ train-clean-100 4% 7t v FZHW\ 5.

BBl ANVARZ b as s AQEBBYE S HIER U TH 208
MDD, AHZETIE 80 Kotk v 3.
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LibriTTS T, 247 ah& (1 1234, 124 4),

53.8 RIlOE R 7 — X D3& £41, LibriSpeech T34 100
Rl 7T =& & FEN 5.

BEARA AL T, HERIIL 8 HMoEHRERYI
WCEERSTS . variance adaptor DX D 72 8 O [FfEREST
R CTCETVEROVWTREHZ A XY MEITH 22T
#1535 5. FOIE#HIE WORLD [29] 12 X b 1155 5.

B AR R 7 TlE, BEERFIE 10,000 fEd BPE(byte-
pair-encoding) DY 7V — RRINCEHT 5. ZDFERT
WBEHE G X 2T — ZERIE, A LTER»S
HLEEAND R XA VbR HNE T3, SELEEDON
R F X A 21iF TED-LIUM release-2 2 —-¢ & (BLF TED-
LIUM 2) [30] Z 5. TED-LIUM 21X 211 Ko 91,967
REOWEETETHD, AMETIEFZEZLDOAZH
W, BEABICE 2T —XIREITS. SBETAMA
722N ARD TED-LIUM 2 DEFEETILD=HD T ¥ 2
=& ZHNWS.

HAFETOERTIE THAFEGE L SHE a2 — 21 (CS))
ZRHW3. CSJ X CSJ-APS ¥ CSJ-SPS D 2 DDH# 7 a—
RNRATHR XN TWS. CSI-APS I3 #EZ IR L 72
P 7 a—nR2T, JIET— &I 247.9 KD 7 — X TR
X 3. CSI-SPSIFHEAEGICET S 32D 7 —<TA
Y — F BT o BE#HEY 7 a— 2T, T — 21T
281 R D 7 — X TR SN 5. RIFFFETIE CSI-SPS @
R7TFT=REAVTEASRE Bk DFE 21T, &
FERDOFEIITHERYZ 33 MO BERRINCERL,
BRI OYE1213 10,000 fHl o BPE RINCEH T 2. &
AR % FWT CSJ-APS O 151,627 FEHEICOWTHK
ATV, SHERHED P AL VS EITS. FHCIET R b
v M 1(CSJ-APS FX A V) Z2{HHT 5.

4.2 D RT LB
4.2.1 FastSpeech2 CIREFE

Text-to-mel v bV —271Z FastSpeech 2 # W\ 5. T
Ya—&XiIZix 68, BENJE 384 RJt, feed-forward net-
work(FFN)1,536 XJt, 4 2 ® head % $f D Transformer
block THERK S %. variance adaptor 1% 2 J§®D CNN, ReLU
DIEMALEIEY, layer normalization % fW, #fEE, FO, /<
v —%FHF 5. variance adaptor DHIIEHWT, =¥
a—X ¢ [ D Transformer block & 5 D CNN THE
X 417z post-net & W TENME 50ms, > 7 ME 12.5ms,
80 KILDAIVARY b 07T LADEREATD . EREEED
BRARET VDD, §hi# IDIC & 2FH DAL T
Tya—ReFa—XGEHT 5. FEEFITE 4,000 1 7
L—>a iU T, warmup Zi#EH T 5.

RET 20Xy bV —2136 H, BEAHE 384 X,
FFN1,536 XJT, 4 2D head %2 Transformer block T
iR L, FastSpeech 2 1IZ& D FHlZNFXANART bl
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F 1 TED-LIUM 2 ® dev £ b ¥ test £ v b DHFERD R (%)
& B A RERO A KR,

FiE ‘ dev ‘ test ‘ AE RURERY
N—=RF4 : train-clean-100 | 30.19 | 27.60 | -
YERE 7 L: train-clean-100
+ TED-LIUM 2 (&EH)
XJVARZ v A I LFDEE 17.12 17.79 1x
Ra—&IT & 3R 16.71 | 16.76 2.75%
REFZE 16.54 | 16.62 1.26x
oracle: TED-LIUM 2 (HA#7) | 928 | 856 | -
R 2 EETFHRCBIIESEMEHROME.
Fik ‘ dev ‘ test

HHRERDY (Fo, XV —5HD) | 16.54 | 16.62
HHREWRDY (Fo, <V —7L) | 16.52 | 16.88
HREWRLR L 16.89 | 17.16

Z 2 ¥ variance adaptor DH{J1% W T, FastSpeech 2 &
FIRRDBEDANVARY sa 7T DRERT 5.

HBFIED 7912, VocGAN Ka—& [31] ZHWVTX
NARZY b BT T LD ERBIGICEREZLT S FECOW
THEBETS. A—T VY —2R0a— F2eHnTHEE
L, text-to-mel EFNVO¥YETHHALT—&ZHVT,
16kHz D & D P D ZEHLD 72 12 up-sampling rate %
55,222 I CEHL, ¥FE L.
4.2.2 Transformer BEETIL

BHEZBHET LDOAINCZ (BAREFDELE) 208 25ms,
© 7 MIE 10ms, 80 KTEDALARZ b 125 A&V,
HHRET ML 2O CNN Z W TR = =T L — 4
PAER T2 (FCNNIE2 7L —AHIZ1 7L —LDA—
NR=TL—LZERL, Tya—XOANEZIZ1 71—
LIZ, ANVART bRTTLDATL—LBEENS).
Ira—XZid 128, FRA4UE 384 KT, FFN1,536 XUt,
4 DD head % #F2 Conformer [5] THK T 2. FlIFEHI2IE
FARIVA L= > 7 [32], SpecAugment [33], CTC #%
LDRNFRRYEE AT 5. Conformer D¥-EHHI
25,000 [EDFEFITNT LT warmup AT 5. SEH
RWEFEERICE, 1Ny FHOBEARE R E&REF D
HEFTHE LW, Ta—-FRiZv—afE10e L, 48,
512 ZTLDREAVE Z D BT LSTM IS & 2 SREET L%
Az —ay—F%2175.

4.3 RHEERER

7% 112 TED-LIUM 2 @ dev ¥ test I35 2 HGER h &
(%) L BERAREERD T — R ERITHI - R ZRT.
Ra—&E VAR, EFEEE» SFO XL AR
7 harg NIERT AR S, GRER RV

*2 https://github.com/rishikksh20/VocGAN
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0.30 —e— L1 loss each bin of FastSpeech 2
E L1 loss each bin of proposed model
—— average of FastSpeech 2

0267 _—

0 10 20 30 40 50 6 70 80
frequency bins

2 FEFEAD FastSpeech 2(H#R) LIREFIE (HEIR) © L1 #%K
¢ FastSpeech 2 12813 2 FIfE. KWED & NHMREB 2R
T BRI T — 226 5 v & 272 1000 ¥ > ST

%&& LibriSpeech ¥ TED-LIUM 2 D F X A4 ¥ I A< v
FND 57, BEEHRDFEI»RDEN, HEAEKERHV
T, AREAZHVS 2T, BRI THZR TS, dev
t v b ¥ test &y bTHNT 43.3%, 35.5%DHEER D H
DWEPRA LN, Ka—XEHWVW3 Z & THKF it v
MR U THXTT 44.6%, 39.3% & & HI1C8EEDRR &Nz,
REFETE, BB Y F7—27TRa—& & dHln
AR TEWERZRE SN (45.2%, 39.8%DKE).

K 2ICEHEERE FO, U —HR%EHDIA AT variance
adaptor DR W#RERT. BRERZHORZV
EFIL T, FastSpeech 212 & D FHIX N7z XL ART b
075 ADAEAINHVS. ZOETNLTIEEHZHD
YEEIIIRENT, Ka—XEZHAWGE e LT, e
FEL ot —HT, FO, NV —OEEERE WL
THDIRIEMREICE (LI R o7, ZHODHER»PS, BER
THROE DAL E RO EREO R B ICHETH D Z b
PR T & 7.

21Z FastSpeech 2 ¥ fRRFIEDOE P 1THT %
L1 #BROEZRT. K256, SEE (EWEDO L V) o
KOMEESEE (BWEO B V) R L TEWv. ZAUdK
JAE DT DT —DIEHRREL, BEEGMETVICE 2T
BFHEE LR TWEDEEZIONS. EEE»SH, BERIC
HHRBR L AREROEND D, FARELEALH5E
WIZ IS DEBENED b NT7-0, HHSOMREN X
ELRrEZONS. F, BEFHEITELD FastSpeech 2
CHEBLT, 2TORFERE VIcBWT L1 BEIUEL
TWVWBZehbhrs.

SIS Yy b =2z K BEHABIE RS, fil 1 DR
PECIEFRMED X D BAREICHI T W2 2 e b 5. il 2
DEMETIEFODITNALLED, KDBEHRCK>TWVWS
Z DR TE 5. FastSpeech 2 TlX, 1 7L — AT
HIEITS 720, BiEDANARY val o ADOMEREZER
TERVED DI BRTIDFRET 205, RE L 5HRH
v b7 =7 TRHIELZERTZ 272D, KOBERRER
WholtEZHN5.
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3 XNARRZ a5 ADEHH.

£ 3 THAFHFHLEEa— 2] (CSI) HDT A MLy 1 (CSI-
APS FX A ») OHGERD R (%) & AMREH DERIFH.

FiE | evall | A RRRERE
N—2354 > CSJ-SPS | 17.00 | -
REF L CSJ-SPS

+ CSJ-APS (BREH)
ANARZ vl LhFDEE 10.19 1x
Ra—&KIZ &3 EF AR 10.09 2.03x
REFE 9.74 1.26 %

oracle: CSJ-SPS + APS (H#&7) | 837 | -

FL3IWCHAETDO R AL VHEISOREREZ RS, B
DIZNVEF LTI T 404%DHEER D ROREN R
5z, JRREFIL Y CSJ-APS OFF F— X TH¥E LI
oracle EF N LT Z Y, 2 R4V FUTOELMLRS
Ntz T CSI-SPS D& L ADSFEICE L, A
DANDERXAL DI ATy FHRDRVWDeEZLNS.
RBEFEZRa—K e L TAEMRREZEL LoD,
REDE DR T E /.
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5. BHOHIC

AWZE T, BREAREAWEEHESH#O 7 — ZYLRIC
BWTRI—ZZHACTIZERBARY Y a5 L%zl
T35y b= RIBRELE. BEFETEERIALX
AR a2y o N EERI T 25 2 L CTHERIR M % R
TAHRZENTES. T2, 28y P77 XV AR
7 a2z g LT, BRERZHAVE L TES.
EEGERDP S, Ra—X &0 DIRVERKEHTT — &3k
ROSREEDZ Y, ROHBZBOWTERBERIEE
ThHhdIZhEE L.

BE Xk
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