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THXFAMEREGRIETFA NS ZNICHIELU-EF %
BRTAIMOMATH 2. ERTETFANEGHAGKRIES
BRMENPSORI—ZNRIA-XEHEL, Fa—-&KIT &
DIRIERE T BRGNS A N Y v ZFRE GRS —RINT
Ho7z (1], [2] Y, D Deep Neural Network (DNN) @
KRBIZEODKRI-KZEAVTIZ, TFAMNPEEREED
SEFRIEARY MV REEEZHET 2 Z LA AHEIZR -
T&E7 (3], [4], [5], [6]. ZHoDFEDHIZIEHNAITEN
HRGEEZ2ERTER2EDEHEH, 2 DT —X %2 H
TEHBENL L FELH LU WHELD 5.

—HRIA=REZAVTFEDHEERNRT A N v I EE
BT, NHOFEEZETMLLEZY AT 4 VXET
INZHEDE, FHRIRE BAE 7 « V2T 2 SERHE
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MU 7 EFRGEICE T B RGO EHARMER BERZR
PEELFETHS.

ARSI A Ny 7 EFEEROREZ W EXE5HD
MMAL LT, INETCEBREEL» S TEREEZ T
T 5 FEE T M feed-forward 1 DNN Tl 7 < K
fiifiE % % 8 U 72 Recurrent Neural Network (RNN) *
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IERECREEZHERIL & 5 & 32T (7] 0, kIEZ X
DIEMIZETMEL &S & T 2FHE]R), [9], /22T b
VAR EERE L &S5 &9 5FIE[10], [11] BREINT
W3, LaL, A7 VORI 2RIHHEEL LTI
RIZWZANT TANT LBEOND Z 2R RINTH D,
X O EY MBI O W TR T RETH B.

AR K o TRBEBURHE S N2 BA XD ML
T—VIBMTHEANT TANTLIE, ART MLEAK
ERIFEEL UTHOSONE., AT TANT LK, A
R MVAEAKE sin (HD WM cos) H— T DEWLEHLET
KBTE, DEONATRA—ZTARY bLVAKEET VAL
TEDN, WA MVEEEZR>TLES L WVWH X
MABH B, —H, PHENBRREEE2HCTICARS MLaE
WREEBEHREL LD LT 2FEDH BN, RoTlhE W
BEZFEBICHET 2 Z 3L V.

IS ORI RS 2 Bz, JEEETTHIR T2 % (Non-
negative Matrix Factorization; NMF) [12] & fi\/z A2
MLVERKDET Y VY 7IZEHT 5. NMF &, FFAEDTT
% 2 DOIAMEITINC T 25 EFETH Y, HFEF
FHIDFETIEART MILEREARYZ MVOERED
BTCRHATES., ZOHAMTDOILE2T /T4 X—V 3
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TOTFAR=YaviEATI)ANDHEEAL LT, AL
Ny 2 T4 77 —EHE (Kullback-Leibler Divergence;
KLD) % o&Ehi 5 iiz2880% vz,

E7-, NMF IZi3k~ RIGHPREINTE D, FH L
DAY PIVEE 2 W B2 [13] 0, v 7Y v
JAWE T & DIE & N7 RIRIER [14), - SHEHOA
R NVEEZZET 52 L TIT D IO [15]) 2 0%
Dl LTEIFONS. REFEISHERMEL T 7T 1
R=yvavORREFZETI2LDOTHY, TFANEFHEE
FRIZZ NS5 D NMF OltHblZEHT 2 Z L BT E 5.
AFTIEZORTEEBIRICER L. AFETIEK,
BOLFEBOGEE 2 HETHIE, PoFRoEF Iz &> TE
ONTHEBETNVEHVWCATEOER2EKTESL I L
ZRT.
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2.1 FEFHEELTOANT TR A

AT X MYy 2 FFEEBICEWT, DNN IXFFE
FE e SERMEOGREEET 2 EEETIVELTH
WoHNd 2. SEERHEEIET F A MRS k> THE O
5 AEH B VIFESHED I VT X A Mz A EM O EE
EEELZEOTH Y, SERBEIIFFIRE) L FE 7 «
NRIZHIST ARMMETH L. HiRE 2 £ TR®EL L
TIFEARBFEEPHC OGN, FET VR E2RTREHEL
UTIEARY MVAKERRT 2 ANT A NS LADHN
SNBZENL . AT TANTLIFARY MLEAKE
KT 572D DERTGDOR BN HEETH 5.
—f%EZ DNN IZ X 2 B8 E TN 2 2B T 520127
Z 3R (Mean Squared Error; MSE) WSEv/MEd B E
B LTRHAINE Z D%\, MSE X (1) &S

IZRINBE., 22T, TR 7V—238, DIZREEDRT
ZRLTWS
1 T D
Lvse (Y |¥) = 5;; Yod — Ur.a) (1)

DNN ZFZ2E£ 5N OZEHIZEVTIE, vy IFERTE»LSH
HNDEEBRHERITH D, yIZDNNIZ & o THHIX
NEEREERINTH 5.

2.2 FREBHEENIBVARI MLVETY VY
ANT TAN T LD &S 2 ARIR T O R % /v
T L TEEREED S ORI TR TV, ZokD
REMEE N RE TRz AR PLVAKEERT S Z
LIFTERV, ZHEEHT B HIZART NVAKE SEER
BuE S EHEME T 2 FEPREINTNS [10], [11]. A
R MVAKERTREDORTBIIBEIKF L, Hilix
513 % 1025 &\ o 7z K EIRIRTTE2FFD 2, EEIIC mam®
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FHEZHED TRPBETHS. HIREMSEILYT Y
> (Restricted Boltzmann Machines; RBM) % W7 F
% [11] T, Bih<)ba7E7 )L (Hidden Markov Model;
HMM) 123\ T @ikt O R o d 7178 RBM (2
oTEFTIMLENTWVWS. F/-4A— T a3—% (Auto
Encoder; AE) % W72k [10] TIEARZ MVAFKIZ#H
UL7-RE%2 AE ZFHWTHIE L, ZOR#EE% DNN T
HELTWS.

—HT, MEAHRIA RV Y I ERGRO LS IZARY
MV & BEARFRBBUC RS, FRBNE 2 R DAk A
R MV ESERBESTFA MNP OHET 2H AL D
% [3], [4]. IS DFETIHIRIFA X2 FIVITH U THAE
BRI L TEREFGEILNTED L, Fa1—K%
W2 BERLRWRENH 5. 3] CIESHEREEDSH
EHEEZFEOIRIEA RS MLV aled 5350, RARRE
UTKLD2°MSE D HHEL TWBH I DR ERINTWY
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3.1 NMF

NMF &, 54751 Y = (yen)kxny & H= (him)xxm
& U= (Umn)mxy D2 ODFFOfE UTRELT 57V
TV AXALATH5. ZORRTOFINIIEAIIZ 2 2 BH1H
D, F-K>MEN>M%ZHIZTELIIIM 2%ET
BEEML . NMF IZ X 217505 #IER (3) kS
rKIhsb.

Y ~ HU (3)

115 HZFEATH PG E T &, 175U X7 2
FAR=YaveEENS. AR FL%E NMF 2 HW\WT
ETVVITEGE, X @) TRINEISIInBHOD
TV—LDARY My, &, TNETHOHREART L
hy,....hy (ZUTug g, ... up, CERMINTZTS 2L
LB DORLEDETRIAINS.

M
Yo~ Y byt , = Hu, (4)

m=1
NMF iEZOAHNIC LD B/FONET /T4 R=Yay
WA= 227 BIEAD D B, &Y A= ARfiE%185
P AN =R 2 BAT B L HAHETH S [16]. #BE
FHETIE, ARZ MVaEiKy, 2o/ oNE AN — Ak
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Fig. 1 Histogram of activation at one frame.

TKLD 2HWwoh [17], ARTH KLD 12525\ T NMF
7522 ed 5. KLD 2H/MET 52412, H, U IEX
(5), (6) IZft> TREMIZHEH NS [12].

Zyk,num,n/xk,n
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D umn
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> b
k
Tkn = th,mum,n~ (7)
m

3.2 HERFHEE L TOTFITIR—Y 3y

AT TAN S LTIE, AR MVAKKIZEZ S R
Dsin (BB WX cos) H—TDEREHLETEREREINS.
ARk NMF TH, AXRZ MVIZEEOELRELETRE
INb., FNDX, EHE5IZ8WTHARY MLAKIiZZE
NEY XD HERTORBE THEMNIIRIINS.

LU, AVTFTANS ADBETIREDEHT — Xz
HUTEAUEEFHONON, RE (AVTTANT L) D
BEVWDAZE>TARTZ MAARBEI NS, —5TNMF
EFHOWIESEREE T —RBICRE 28 /2, BibEE
FHRXGERDEER R R Y 7)) v F TR ORE AR
THIENTE, FEEAW [13] PHISILR [14) o ©
BRIEAE . ESIZEEENARS MILVOMHIEGE % (%
L, $EZOEANANN—ATHBEEIZ, BoNbd A~
7 MVERE ORI MG 2 AR TE 5 Z e IR TE 5.

3.3 7UT4R=avOHE

NMF O7 7 F 4 R—¥ 3 VIZEHUEHEHNS X b
Vw7 TFFANEHAGROMAEZR 2 12R7. £ 3 I
HOERT—RIZEVBOLNZRIEARS v TLY
Z, NMF iZ &> THREFIIHET 7T 4 RX=Ya v U
CRL, D% EERME L SEREE (U) OfFRZ
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Fig. 2 Overview of staticstical parametric text-to-speech syn-

thesis incorporating NMF.

#£9 DNN HFZEE 7L 0¥HE175. 2L T, BEFFH
EDNN HSZET NI Lo THEINAZT 7T 4 R—=T 3
YU #ITEDLEDZETTFA DN G U ZREA R
2 asS LY 2155,

1

Y HU (8)
Y = HU (9)

TI7TFA4R=2a VOHEIZODWTIE, 775714 X—
v a v DRD A= AMEDNIZ MSE (358 ) 7 i BT
WRWZ eDEZ NG, £, ANX—ATHBET T4
RNR—yavaFERETLENVWIZLIEDFED, FREDOARY
MIVIZEWEEARZ MVEBERHT TV D2ECHT
HITHHY T 25, 77 ARBIOEVITETHLLEZDLD
WHYTHLEEZXOND., TDA, KFETIEKLD 5
EWNET T4 R—2a IZ#E U EAER A IRET 5.

T, 0 = [uh,u,... uhy] EHBTLV—LIZBTET
ITFA4R=2avyThbdel, TOMEcLT5. DFD,
=30 ul, BT, R (10) TRENBESE, o
DERBEREZDONTH2 c THDZ L TIERLINEZT Y
TA4R=YaVu=|ug,u,...,uy) BRSNS,
u=— (10)

uDHIX 1 THY, uld AT TV IV AHE AT Z
EMTES. DNN BEEFINTHEINLZT 7T 14 RX—
Yavuw EBHENET 2T R—=Yayu O KLD IE
X (11) LS IZEETE S,
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FERSA:

Table 1 Experimental conditions.

Model H Output ‘ Dimension ‘ Normalization Loss Function Output Layer
MCEP | Mel-cepstrum 180 (mcep+A+AA) Mean: 0, Var: 1 MSE linear
SpP spectrum 513 (16kHz), 1025 (48 kHz) Min: 0.01, Max: 0.99 KLD sigmoid
LogSP log spectrum 513 (16kHz), 1025 (48 kHz) Mean: 0, Var: 1 MSE linear
ACT activation 201 (norm-act: 200 + power: 1) Sum:1 4 None CE+ D-ISD softmax + softplus

Drp(u' | &) = Z (cum log Zg—m — ClUy, + éﬂm>
m
m

. ¢ ¢
_C{Zumloguer (C flogg 1) +Zumlogum}
m m

=c{Dcr(u| ) +Dis(¢|c) — Dep(u|u)} (11)

ZZT, Deg & Dis EENTETNI/ DALY hrE—&
W B IR EE (Ttakura Saito Divergence; ISD) %373 .
2%, KLD O/MUIZIERLTY 7714 R=Yava, u
Morsuazy hut—k, NT—¢ cBOIHE R
ftEEE (Dual Itakura Saito Divergence; D-ISD)*' Dl &
HETHD.

['KL = - Zum logﬁm + (z - logg - 1) (12)

Ko THRETFETE, EETVOHN%E G L ¢, BUHE
)gf utck [JVC, J:i‘@ £KL ’E?ﬁ%ﬁgﬁﬂlr‘:’ié

3.4 REFEICHTZHEENE
32HiTHRARZEY, NMF TlER—D7 2754 X—> 3
VEROREDD &, FEEXER, HdVEYY T v
FRBEDREETI 2B 2N TE DL, HEEH, M
FikE, HSIEL EOISHAPREINTVS. ZOIGH
D122 LT, |EFETIE, FHBOSFEISBSN
RIEATH 2 ILHIE O ZIRD 53 5 N IR THICE S H 2
% & THEHER [14] 2 FEB L TW5. i &[RRI
NIVNEHEET—RE2AWT, ZWoDRRA—D7 75«
R—2a VERFEIREDD L85 LIV BEEITH 2 M U
Tz, BIRINZESNDEFEIL, RHIRORE L, HHgo
LR TEH LAEEETVIZEsTHAINET 751
R=—vaviz#HirdbEszechions.

4. SEERBYFLAM

4.1 EEREMH
EERWFEMIZ, ATR $FENT A 503 X2FHAL, A-I
v b 450 LRI, J 2w b 53 30 FHIC W7z [18)].
HEY Y TIIEHTSZOFEAZ Y 7 MIH 2 EMEORKSA
1 KU A R, A5 A R I B\ TR & MR

EHIZU-HEMRETH S
*2 http://hts.sp.nitech.ac.jp/
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F=REFMA L., KERTIEE L2927 v 7 HER
(16kHz & 48kHz) OFKFT— R &2V, > 7V 7
JHIEE 16 kHz DFE T — X IFD 48kHz DFET — X %
Ry T) 75282k - TE~. WORLD 4
ZHWT, A7 ML, EARBEER (Fy), JERELNRE
HEEEL, 2587V THS W REED S IRE
RS B BRE WORLD A3 — X %Wz [19].

%9, #EkT4E (MCEP, SP, LogSP) &, ##£ T (ACT)
DU AT o 72, FEBREFMIER1IZRLTWS, 2TOF
HEIZDWT, DNN O ASRH#E & LT 0.01 55 0.99 OfE
ERDO LS ICEHL I N SEEREEZ Y, DNN DT —
F* 5 27 F ¥ 1 Feed-Forward B1TH D, 68 - 1024 2= v
b, 1EMHALBEE tanh DRENEZFD L 512 U772, MCEP
DOHAF 0 IRTDANT TA ST LY, FOENRHE
120 kot % &7z 180 IRITOREETH 5. T DIRTEHE
¥ DNN ZFESAY — ) Merlin®* D F 7 )V METH 5.
SP ¥ LogSP @ HAi34tiz 513 kot (16kHz) & 1025 ¥X
Jt (48kHz) DARZ FLVEKKTH A, ACT DI 200
WIDERET 7T 4 R=Yavk 1IRTEDNT —h 574
5201 RIEDRBETHS. £/2T7 7T 14 X— 2 Vidk
IEA~RZ ha g5 Mz LT NME 2170, HETFIEE
FOERED L2 VAN 15 X HIZIEFLL, KE
E#01% 1000 & U7z, 727714 RX—=Y 3 v ORTHILFERE
RERADUNZ W EIZ, AR ML E L T E
Ma U7zt e 70 5 & 5 Il % IR L 7=,

MCEP & LogSP IZ2D\WT i, HARHEE T 0 Ok
11275 & S I EFb 24T, BZEEE%IE MSE % /-,
INSDETIVTIHEKOHAEZH W, SPIZDW\WT
I TREEZ 0.01 225 0.99 D% FD & 5 ICERL%
v, FEEBBUL KLD 22, ZOETILTIE[3] &M
FRIZH T8 13 sigmoid BI#Z Fi\WVW7z. ACT T, ERULT
TT a4 R=2 a3 VIFERIZRIAN 11245 K5 IZEREE T
BY, NT—ZDOWTIXIEHIL L b - 72, BRI,
FHT7T7F4aR—=Ya v izonTiEZuAny ho¥—
RV, N7 —ZDWTIX D-ISD & fA\W-. HARIXER
{67 275 4 R—=3 3 VIZIE softmax, /37 —IZ 1 softplus
AW,

MAT, WEHHRERS T o7, Y7 VIR

*3 http://www.cstr.ed.ac.uk/projects/merlin/
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(c) bandwidth expansion

07T MCEP sp LogSP O7ACT MCEP sp LogSP
(a) 16kHz (b) 48kHz

B3 ALTTRALTLEAMEDRER. (2) FY 2TV v T TAM
B 16kHz, (b) ¥ 48kHz DHLED 4 FIEOLEHERTH Y
(o) EHHIBILRFERDLG G D 2 FIEOIKHERTH S, TT—
N—I13 5% WX %2 7= g,
Fig. 3 Mel-cepstral distortion; (a) in 16kHz, (b) in 48kHz
sampling rates among the four models, and (c) of the
experiment of bandwidth expansion. Error bars indi-

cate 95 % confidence intervals.

B 16kHz & 48kHz @ 50 XD/XF L IVF— &R ZHWTHS
SUNREERZMBE L. 20 50 XFFIHO 450 Iz
HEENTVWEEDTHS. £ LT 48kHz DEETFH &,
16kHz DEFECEZHLAZDNN &> THhENnBE T 2
FAR=—YavEHITIEDLES I LT 48kHz DEKEH
Z1572 (16k_to_48k). ZDEMER L, 48kHz DEE DA
TDNN Z2ZHULZEDE 2L (48k).

ETDOFEIZONWT, AFEIZARY MLVEKBETFY v
DB ET D A2, THEARED Fy °IEE A8
HEn=FEroMiEInzbDE AN, ARSI MLEKE
NI A—=RDH%E DNN PHHELZ. T UTEFHECE
WTEEDHE2E LEEERANT 4 VRIZHOZ» -
7-. £72 MCEP TIXEIWREE %2 Z T 2 IR T
A —ZHEE (Maximum Likelihood Parameter Generation;
MLPG) %@/ L 7z [20].

AREBRTIX, BN ZITD A2, AVTTANS
LEARE AN [20]. F 72 EBIRFEHE 21T 5 i, HH
DOREIZETETV 77V AAB T AN 2T, &F
ANMZIDE, BT 2 2FEDO 10 RTOEFAENT VX L
WERX N, FHIEPEARTH DU H2ENT S &
512U 7. &Mz o>WT, FHii#E X 25 ATH 5.

4.2 ERER

X3 (a) (b) XRRZY VT v IHBEEIZE TS T A
FNEBEDANVT TARNT LEBADFEHERLTWS. (a)
1% 16kHz, (b) 1% 48kHz DA D 4 FHEDHETH 5.
X3 &b, 16kHz & 48kHz D E¥H 5128 W T HIRETIE
1& MCEP % SP IZHARTENWEAR L > TWB Z 24
Wb, Flz, AVFTANTLEAL WO RETHAILT
WEIZEEDL S TREFEIEIMCEP K /NS WEAL
HoTWh., ZHiE ACT M & b M2 i#5E % (45 T
ETVWBLEEEZOND. 72 LogSP L IhiKd 5 &, ACT
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(c) bandwidth expansion

Preference

4 FBEHMEOMEER. (a) Y7V v K 16kHz, (b) 1
48kHz DIGED 4 FEDHBFERTH V, (¢) FHIHERSE
BOGED 2 FEOUBHETHS. 7 —"—1% 95%EHH
X% 2% d.

Fig. 4 Subjective results; (a) in 16 kHz, (b) in 48 kHz sampling

rates among the four models, and (c) of the experiment
of bandwidth expansion. Error bars indicate 95 % con-

fidence intervals.

FIFIEAFEORER L 2257z,

M4 (a) (b) 3825V 7)) v IRABRBICE) S XE
BREZRLTWS., ¥ 7)) VAR 16kHz TD SP #
BT, ACT i FIRIZHARTHVWARMEZBT WS
ZEWRE NI, T OFEBREERITREFIERIZLHIE D 5
CBWTHIZARB SR 2ERTE S22 RLTWVWA.

7z, WIRILRFEBROMEER 3 () X4 () ITRT.
EL S DIz B NTEH, 48k & 16k to 48k TR L THEM
WCRHWERE 2o TWBZ D005, 48k TlX 450 XD
RSB DO G HE BN ER b N TWBED, 16k to_4Sk TIXA
HWIROEFEIL 50 XUPHWSNTWAR. 16k to_48k D
FETTIUPPHBOEEOATEEINTWSIZE D
57, BEFEIR Sk ERESHAUNEDLSRNZ LA
RN,

5, &

AT, NMFIZBI}ET7 7514 R—= a %58
MEY UHEHMANS AN ) vy 7 S5EAREZRELE. A
NR=ARHBTH DT 7T 4 R—= a v e #EYIcHET
LHZKLD 58NS, JUATY bubv—IdHRE
R DM 2 AR LTRELZ., 72T 4 R—
VavEBERHEL UGS, AR MVERKIZHART
PDEDNTA—RTARY MLV EKERETE 5 L2, [
FROBIREHTHEANT TAN T LR TF—RIZE
DERERBFDLZENTE, EALEEVHMARARS b
WHEEZ R TED L VWO RN D 5.

AT, REFEOHEMD 1 D2 UTHEBILELZED
RO ENTEBZEDRENT. DEDIEFHOEE%
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RETME, BETEISEETAIEFHROSZEOAT
ZHINGETEILEBOSHEEERTETHS.
FEERWFHM CIX, BEFHRRRCY > T v IR
48 kHz OBEITMTPIEICE 2 HARMEOZTHERERTE S Z
EWRENT. F72 16kHz 55 48 kHz ~DFFISILIREER
T, EBOTFOATEY L -FEEE TN %EHWTH
DB DILRIEENERTE D Z LRI NI,
SHOEEE LT, NMF 2 W= mEEHREIGH L7
BEGEESEAGRDPYETE S, 7274 R_R—>a VO,
FHIMRENEERIRET B2 2T, BR5iE0EE2lo7
T REEOTAEMEEZ SND. £72 NMF %2 Vw724
BEREZHWTHEZTADDEETHFE TS 2 AZE
DA Z L HWIHTE L, WBIIRICE T 2 MEOWE
NMF (281 % A= AHIFDOE A LB RIZDWTH
Mt ORMDH 5.
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