Vol.2015-SLP-105 No.4

i B4 AT PO 0 A
[EHRLIBZ TR G 2015/2/27

IPSJ SIG Technical Report

HAREREBEOM 71N YERW 754 Y RERO B

RE] FELa) NI ETEL VR BRI OBER K2 A — i

WE : lEE D 7 c VR E2AEDLELZ 2L, BEXDRWERERT T 1V R EED
HRERET S, WSk or ICA) RHIIART SV (IVA) O XD 2B 7 1 )V ZIZED RS
X, BEADBRNE WS EHERD. L UAaAS, ICA, IVA X, FIHROMSIMERIES T 22 FES
5728, INRRAL UV RS T B, REERIE, LT 1« L X OHIICERE TV EE
OFF 2GR E ATk 0 L, HAEGROENIZHMT « V2O IDED X507 1 v
RDBEHERMET AU 2 0ET e THMEE 2RO L. 2L ) FFEOMIMEZRET S 2
<, BODPRVDMEHE 2B ENTE S, 2 EEARRTEEE ICHT 2 HHRMMEROMETR, 2K
HWIXIVA KO HEEZM ETE5Z L 2R L 72,

F—TI—R:INFF X 2NT A2 NERDHE, SO 1« L&, #AEZE, Denoising Autoencoder

1. ELC®IC

HAGRET VEHWTHRIED#E Y « VX 2 MIET S Z
LT, BORERNDLL, GREICEREZBHRAERE
TRl Z =R U 7.

RVFF Y 2NDT T4 v NGRS, FREERER~
AT EDLSFE [1)-3]) LMETHET « VX ITEDILKF
M [A-[6) LI KBITE B, SRR A2 125D < Tk
1%, AT MV A X —v D55, LRI
9 2 E RO P BUR 5 D A% @il X & 2 IR~
A7 ERAWTHEEZHET 5. DHEEXEWD, JERE
WEIZERNT ZERRET L VI REDVD B, —F, %
nHE 7 « L RIZFED L iR, FHROBESBROFEL
WOBRLED 7 4 VX EAWTCHWSRZHETS. Z
D7 70— F TINS5 A E I FE A
LaWed, BEERES 221289 FELI Vb EEE
BOBEENEOND L WS ENH S.

BIEDBET « VX OHEEITIX, HFIEPIMN DA D
ABRDAEDPSEREIND L WS FRENILL HSNTH
5. ZOREERWEREARFIEE LT, LKL
# (independent component analysis: ICA) ML~ K
JV43#r (independent vector analysis: IVA) #3% 5. ICA
P IVA X, FHEPMZTRVWEER, SHEOEHRIOMG L

b BfBHAY, Waseda University, 27 Waseda-machi, Shinjyuku-
ku, Tokyo 162-0042, Japan.

2 PEKTEMRASK, Oki Electric Industry Co., Ltd., 1-16-8,
Chuo, Warabi-shi, Saitama, 335-8510, Japan.

a)  omachi@pcl.cs.waseda.ac.jp

2015 Information Processing Society of Japan

FEEDOT =X DNMHENR RIS & ESITHMEREN ST 5.
ZOMEIZNL, FHROMEZ2RET 2028 U 7~ Hai5H
AEfAVsdZ e THREZEET D2RANLZIRINTY
3 [7)-[9]. LAL, SEIMLTHRNE SITHMNEREDS
b3 BHEICH U TR E U TR ORI H 5.
AR TIE, ST + L XIZHE I FESHIZ BV
T, SIS 20E 2 5 & B9 SRR 72 5 R i 2 52
BAEER 7 4+ VR OME AN ERRET 5. #_EETIE, H#
MEEIZ LD DEMESDARY M Lh s BINEIRD AR
MVEERT A0 e, BRI N AT ML «
VR DIED TN 725 X S ITKRE 2 HET « )L X DR
BaEMET HMHEE 23 0RTZ2I2LD, 712 %2H
ET D, AFEIE, FIHOMNINE - JEA Y AMEOKE % &
LML DEEDTATRETH D, D ORIE DO PR A D 7=
DNENIIZ X2 EE DN LI TE S.
HAHFIEIL, denoising autoencoder (DAE) [10] (2 & D
EH U7, DAE X, EEZEOCAINNNZX =V P oEEZED
BRW SR =V OHEENFRETH D, FREHIE [11) PHF
HE [12] 2B VWTEWERPF O N D Z e &G I TWn
5. FHEAMZ L > THEONIDEHESIZIE, HEZTOMH
UFE D Xl 2 BB E N T 2 BV E £ 5. DAE
WO HAGEE SHRIMMOBE THWS Z & TZD &
DREMER I N, BHWFFRIEWARTZ MULABRLSNS
NP

DAEZ X DB I N/ ARY bV, SFBLDORELE %
5. ZZTDAE OH %2 ZDF F HNFIROHEE [ &
LTHWBD TR, 74NV REHET2-0DICHWS



BHRULEFMRERE
IPSJ SIG Technical Report

VWS T TO—FRREEINTVS. Xia 5%, V1 F—
T4 VR EHGHTH7-DIZDAE ZHWT WS [13]. 7z,
Huang 5%, DAE OH % AW CHRENER~ R 7 % &%
ST A FEAREL TV [14]. AWI%ld DAE O %
SRLVFF ¥ ZIVOIEDEET « L ZDOHEEIZHNT WS &
WO ET, ZThSDEL I3RS,

DAB%, 2 CTREFORMBEL 22087 «+ L XIZHED
{754 RERDHIZOVTHEL, 3 TIREEOT L
T ZLIZDWTHERSB., X512, 4 T2 iEEMARAEEIC
W 2GRS MEERRIC K 0 IREEOARME & G U 75 R
WZOWTHAR, 5 TEEOESEDOBMEIIZONVWTHRDS,

2. IRHWDBETANIICEDILKTSA VY RER
pak:i:

KRG8 + L 202 HD < FIRA O HE, RA 8
DRHOZEMT T, BAMEEOHMEZINORHET 1 LR
EWETHILTHS. T T, N, HOBHIES»S
N, [AOFFE%=HHT 2MEEE L, WEI#7 « L&
OHETEIRIZDOWTHBIT 5. 272U, N,< N, 9 5.

n HHOEBRESZ s,(t), m FHOIA 70k ics
HBRESZ 2,(t), n BHOEENP S mBFHO~ A 27

ORYETDA VIV AIGEE hp,(t) T2 &, REEHH
BB 2RGERIIUTDOLIIZFIT 5.
N; Ty
Zm t) Z Z thn(t Sn(t - T + ]-) (1)
n=171=1

ZIT, Tp 31 vV AREEEZRT. REHEEBIC B W
THT 4 VRERDBZ LIE, HERS LCTFHOIRME
OBSIZBVWTIHEETHS. TIZT, 2, ) 2 T £ H+
PIZEWONECERRE 7 — ) =288 L, BRRER T
T ANV RERD D, FRBGEETIE, BEEERIEEEO X
R MV EERBOBEE UTU IO L3 I2&EIT 5.

N
= Hpn(w)Sn(w, 7) (2)

TIXBER BB X7 V-0 R KT, F, Zn(w,T),
Sp(w,7) BENETNBHEZTDARZ ML EHFJHO
AR MVE, Hp,(w) FEEERERT. 22T,
Z(w,7) = [Z1(w,T), -, Zn, (w,T)]T (T IHEEE2RT),
S(w,7) = [S1(w,7),, SNy, (w, )T &F 5L, X (2) XA
TOLIIZHEESEHT I LN TES.

Z(w,7) = Hw)S(w,7) 3)
Hyi(w) Hin, (w)

H(w) = : K : (4)
Hy,,1(w) Hy,,n,(w)

BHES Z(w,7) TN U TEIED#E T «+ V2 W (w) Z5EH
T5L, ZOHN Y (w,7)=[Y1(w,7), -+, Ya, (w, 7)]T 1Z2A

2015 Information Processing Society of Japan

Vol.2015-SLP-105 No.4
2015/2/27

TOLSITkHE., Z0LE, V(o 7) dHEI N n HEH
DEPFDARY ML &Y.

Y(w,7) = WWw)Z(w,7) = W(w)H(w)S(w, 1) (5)
Wii(w) Win,, (w)
W(w) = : .. : (6)
Wi (w) W, N, ()
R () IEBWT, W(w) =H 1 (w) THDEHR5IE, S0
T4V ADES E FEOEFR—BT S, Thbb Hw)
WA THDR51E, W71V XE2RDDILIIAEZTH
5. LU, Hw) &< 78Ry & HEOABEBIFRPI
CHKIFT S, Do, H(w) ZHATERE UTH
DZEIIEHER#EETH S,

W(w) OHEEIZIE, G ZNE NI DIEH Y
AENENSERINDE L WHIIREDNELHVWSND.,
Ww) =H () THEE5IE, HxhiEEd iy
BRERUDEPSERINZBDEEZDLIENTES.
Thbbt, PHINEZEERBEWVIIMN 5 k5%
W(w) ZRDNIX XV, ICA I, HIEZSDART MUK
B Y (w,7) BEHWHNL & 725 & 57 W(w) Z3kD 5. i
MIMEREFET 5 LW AEETH B0, HIIHMESDOIEE
®Ti%(ﬂ—::%—Vayﬁi):ﬁﬁ?é%ﬁﬁ%

REES ZMRET 2 HENH 5 [15]. IVA IX, HAOEED
XA?FWW%@A?FW{(lﬂ Y (N, )T B8
HWIHNL 2 5 k5% W ()%ﬁwé.am®$%ﬁﬁ
EUTCHABEBMOBEREZEZR L 2R e iz ET 57
&, APEBHEOBEEIIMEIHEINS. TDRd, =32
F—ya VMERFEELRNEWSFEAH B, Lo,
FIRAANL TR WGP F IO HRT DA HIEEED A & 5
RBGE I DEEREPME T T 5. 7z, MO E
WEINIZART MVIFE\WIMN.TH B &\ S Rkl H
2500, BITLEHFFEL KT D L IZES 20,

3. EEEBRERWLEEEOB T 1LY DIEE

RWETIX, DEHESDOARZ MV Y (w,7) DS RT
LHIEIREDARY MV S(w,7) ZHEL, Y(w,7) & DR
ABUMERTBEE R Z itk b, $IESEET « L2 W(w)
ZRD D, RFEEOWNIEOFTNZM 1I1ZTRT. REVA
FL, ZRESHERB LV T4 VEAEREPOKS.
ZRETHE T, MEDMET 1 VE W(w) IZ& D157
DS T Y (0, 7) 25, FENCFEE U EEGEEET VE
FAWTHIMES S(w,7) ITHYS T 5 AT R L Y (w, 7) (B
BTk, Z2RESLITER) 2kd5. £z, MBI «
VEZDEFHTIE, MTETHESNLZZRESDOART b
VY (w,7) & Y(w,7) D#E T ANE L7255 K512 W(w)
ERIET 5. J DR T % £ TRBESOHTE &Ko
TANROEHR VKT ZLITED, DEESDARY
MV Y (w,7) Z2KRD S, DHEHE S DRFEBIZIE, Y(w, 1)



BHRULEFMRERE
IPSJ SIG Technical Report

No :

1 calculation N ' ["Associative | |

Observed ' Estimated | | | “memory i
_spectra 1 | seectra | model \
(Microphone 1) | |

Source 1) !

Observed i

spectra
(Microphone 2)

Estimated
' spectra

(Source 2)
I

i
T '

1 | Associative !

- ! I memory H
Gradient ! model '
calculation !

Filter update part Reference update part

1 Schematic diagram of proposed method under situation
that two sources are estimated from two observations.
System developed consists of reference spectrum estima-

tion and linear separation filter update.
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<Output layer>
Logarithmic power spectra
of target source

<Bottleneck layer>
Bottleneck feature

<Convolutional layer>
Feature maps

<Input layer>
Logarithmic power spectra
of separated source

2 Associative memory model (AMM). AMM estimates log-
arithmic power spectra of target source from one of sepa-

rated sources.

% 1 Structure of associative memory model.

513 bins x 10 frames
(8000 Hz x 160 ms)

Dimensionality of input feature

30 bins x 5 frames
(468.8 Hz x 80 ms)

Size of convolutional filters

Shift of convolutional filters Freq.: 15 bins (234.4 Hz)

Frame: 2 frames (32 ms)

# of convolutional filters 94

# of units on convolutional layer | 9306

# of units on bottle-neck layer 2253

NE—vOReEME 1T 5.

BREDEAB LONA T AFGREWAEZREE [17) 12X o T
WETS. UTFO2EHEHOT—&2 285 L )La—nRAe
LTV, CNN O%E %2475 7=,

o Train-1: EEDZTEDNB T —ART MLE AN
T—REBERT — X NG AN S.

o Train-2: DEEE DN AT —ART MVvEATT—
&, W69 2 HWES (BEHH) OIS —2ART
MLEB T — X IZHWS.

Train-1 (ZHW S EEDEH L, ATR HH#E /N7 2 A [19]

Dy bk BIZEEND 1,800 Fih (20 4 554, £ah& 450

Hah) THBD. AMM OFEICHW D S IE, K20

FMETHER L. ATR ERZNT VAXDEY P BIZEE

NHEMEAGFEE P S 12 MOFEEN Z/ERL, TD5H 9#
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DWTIE, DB 3,600 FEEE (9 #l x2 3 x50 FEEE x4

M) AL LT, Mt 2 HEHBNER 3,600 Fik%& Kbl

ELUTHWZ., 72, OCNN OFBIZBI 254K T IcH

WBRAFT — R & LTHE 2 ORMTIER L Z40HE5 104

Feah (180 x2 558 x52 Fih <1 &) 2 HW =,

—fiz, FREOEELE SN2 —F VY NI =0 %

24 BB, vanishing gradient problem & XX 3
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% 2 Experimental setups for sound source separation and AMM modeling. 6; and 0

represent angle of sources 1 and 2, respectively.

Training set

Development set

Database ATR Japanese speech database
Sampling frequency 16 kHz
Number of speakers 4 females

Number of pairs of speakers

9 pairs of females

1 pair of females

Number of sentences for each speaker

50 sentences
(Randomly selected from A-T set)

52 sentences

(Randomly selected from J set)

Reverberation time (RT60)

0 ms

Microphone array

2 microphones with interval of 3 cm

Source angles (01,02) [deg]

(-15,15), (-45,45), (-75,75), (-90,90) |

(-60,60)

SNR

0dB

Separation method

Auxiliary function based IVA

BHRIZE D, FHERS L TERVIEREHINTVS.
ZOREIZNIRT 2728, BRFY (18] 12k b CNN %%
BL7z, FHEEOI =Ny FHP 1 X3 100, FHHREIIY)
HifEZ 0.01 £ U, new-bob EIZ & D BHFIZHIHEIL 7=,
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KB 7 « L 2 OEIWIE Wit () Z5ED, ZDHH
Y(w,7) &35, ZTITIE, Y(w,7) ZEHEERIZEY
HEINEZIYESDARY MV Y (0, 7) DED L & 5 Hl
ET 5175 M(w) € CVNe 2T 522525, 12
EUAT LTI, ICARIVA REIZXVIELHET « L
REWEL, TOMEREETH 2 HEMGTIEE T VICED
K74 IVAHEEOHMME L UTHWS. M(w) (2 & Y HiiE
INFART MV Y (w,7) 1,

Y (w,7) = M(w)Y (w, 7) = M(w)W ) () Z(w, 7)(7)

L5, M(w) B LT WD () I3 ETH Y, 20D
B M(w)W0nit) () B ER L B e TcE S, Z
2T, Ww) = M)Wt () 352, KX (7)1,

Y(w,7) = W(Ww)Z(w,7) (8)

b, TNRBHESD AR Mz, BIESEET 4V
2 W(w) 2 EALELDLRITE .

Z 2T, M(w) 2RD72 ET M(w)WO () % FHET
2ZrizkY, MESHET VR EERT S, M(w) & H#
ET B0, RO R MK J(w) 2EHT 2.

Ns 2
Jw) =3 |log [Vu(w, 7) 2 —log|Yn(w,T)|2‘

n=1

N

= |log [Vu(w, )P
n=1
Ns 2
—log| > Ma(@)¥;(w, 7P| (9)

j=1

M,; & M(w) @ (n,j) BEEERT. Mw) &, AFIRT
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Algorithm 1 Algorithm for separation filter update.
Require: Observed signal Z(w, T)

Require: Initial linear separation filter W (i) (1)
Require: #epochs for reference signal update Nr, #epochs for
filter update Njs, learning rate p

1: MO(w) =1

2: YO (w,7) = W) (W) Z(w, 7).

3: Estimate Y (w,7) from Y (w,7) using AMM.

4: for i =0: Ngr-1

5. for j=0: Ny-1

6: Calculate G (w) using Y (w, ) and YO (w, 7).
7 MU (w) = MY (w) — uG) (w)/[|GU) (w)]l.

8: end for

9:  M(w) = M) (w).

10: YO+D(w, 1) = M(w)W D Z(w, 7).

11:  Estimate Y@+ (w, 7) from Y@+ (w, 1) using AMM.
122 MO(w) = M(w).

13: end for

Output: W(w) = M(w)Wni) ().

LORABEIZE D RDE Z N TE S,

_ G(w)
M) () MO (w) — (1)
IG(w)I|
0J(w) . 0J(w)
OM{y (w) IMiy_ (W)
Gw-| . (12)
0J(w) 0J(w)
aMXrS1(W) o OMY N, (w)

p, nXTNETNFEBE KOCEHEHRO Ty I A
Z, TIZBAFHE2RT. £/, * IEHELEE2ERT. Dt
T4 IVEZDOEEF TN X L% Algorithm 1 £ 5.

4. FRDBRER

4.1 BRDBERM

FMMT — X IE I 2= a T EDER L. A N
VARE LN 3 OBRBE TR L 72, REERTIX, Y&
HEOREEILD FRL 72012, EEEBISEREZ D & T K 4
Bk E TORMDAZY D H LU THW:Z. JNAS #iH
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310cm

Source 2 Source 1
(H=125cm) . _eemmbemee (H=125cm) N
ST g
4 N ’ N, 3
l/ \\\ l/ \\\
,,' N 62 01 /' \\‘
! 100cm ™ \
/ \(\’ ‘\y 1oem
’ oo ;

Microphones

(3cm interval, H=125cm) 50cm

3  Ezperimental environment. Source angles (61,62) are (-
30,0), (-80,30), (0,-30), (0,30), (30,-30), and (30,0).

A LTI — %2 [20] K 0 MBI R L 2 AT A

VA RE & B MRS, 2 FEERINFERE 30 &k (AMERE 10
F, M3 FEEE) ZER L7z, 295 L TRZIRGESITN

U C RALD B4 T 8 U 20 MM R & 34l L 7.
o IVA: fliBhBa%GEIZ D < IVA (6]
o IVA-AMM (R%E): #EMAFIRZ H W72 # % 70 i

74V ZDOEH (WIHME: IVA D7 1 L&)
ZRESOEHO LRIF30EE L. 72, fFonizs
BES I 2R (11) 125D < DT 4 L X DB H [ ED
LBRIF 5000 & U7z, ZERE p 3HIHMEZE 0.0001 £ U,
new-bob EIZ & D BIIZHIEIL 7z, IR E & U T signal-
to-interference ratio (SIR) 3 & UF'signal-to-distortion ratio
(SDR) ZJH\W\7z. SIR IZ72 #5512 & 5 HIFE IS
DRSS B HIF RO K D23 U, SDR (F7#L
HUZ KD AEUZZRICHT 2 HWEFFRO KD D ERS. DA
TIZ SIR, SDR DA% KT,

SIR [dB]:
LSS 1010g S ISi(ew, )P
10
NNo =5 S N (1= 8i) Vi (w, T2
SDR. [dB]

SN [Si(w, 7) 2
101log;q T
Ns N Z Z SN (1Si(w, 7))

i=1 w=1 _|Yvii(w’7-)|)2
=72,
N,
Yij(@,7) = > Wi (@) Hynj (@) Sj(w, 7)
m=1

N., N, &, TOFN7L—L8, HlHe Bz LT.
Ehz, 01, i=jDEEITL, i£jOEIIT0ERRT.

4.2 ERER

4B XU5IZSIR & SDR OFIIHE & BEHER A % RS,
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OIVA O IVA-AMM

(30,0) (30,30) (0,- 3) (0,0 (30,—) (30,)

Source angles [deg.]

4 Averaged SIR for each condition. Error bar represents

standard deviation.

OIVA O IVA-AMM

(-30,0) (-30,30) (0,-30) (0,30)

Source angles [deg.]

(30,-30)  (30,0)

5 Awveraged SDR for each condition. Error bar represents

standard deviation.

SIR DML UTIE, #REEITIVA & FAEDMER%Z R
U7z, SRIOEBREMETIE, TVAIZ& D HFE U DB
DBRTRTHETET W0, REEOHENRZIZL
Ko TWVWabDeEbN5.

REED SDR 1, WIFNOEREMIZEWTH IVA %
ElE o7z, BEHRIZED IVA TEUEEZBL, HWZIR
EENEEICHBTES Z b oz,

B 61z, THEES (a), Z2RES (b) BLIUTHNEIED
HEEMHE (¢) 2Bl (d) DARZ vaZ I h%5RT. HlZIE,
1.2~1.5s, 0~2 kHz OFEKIZIER T 5 &, IVA Tl HEL
HIZ X 2B R TIND (a). —F, TOAXT ML %E
ANE U THBINEZSRES DAY MLIZIE
BIIEENTVARWY (b). ZOXIBBRESDARS b
WERWTHRIEDEE 7 + VR ZMIEST 52 2T (c), HWE
JISEWAAZ BL (d) BERINTWS Z bbb

5 F&HESHDOERE
WIS SR MO ER & Hig L,

/
, DR

EOFREBNDZ NG
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Frequency [kHz]

N A~ O

Frequency [kHz]

Frequency [kHz]

1.5
Time [s]

(c) Speech spectra estimated with proposed method.

(o]

Frequency [kHz]
PN

(d) Original speech spectra.

6 Ezample of logarithmic power spectra.

HAGEE T VERHWTRIEOM Y « VR Z2HET 5Tk
ERELUM. ICARIVA &\ o it kDIIEDEET « L
R DOREETIETIE, FIROMINE - FEH 7 AVEDRE DI
SEURR WA BEREDME T T 5. —AIREEX, B
DEET A V2 OH N E, BEFTFEDANRY MLEEZ L
ARSI D HIED I 5. 200, HERICET3IRE
EREEET, MBS T 4 VX OPEADHT, HHES
LWARZ MVEHBTZZ 2N TE S, 2 ihE RIRRE
FEICNT B FEDREERICL D, RBEERITIIVAIZE-T
HEUBERBERTEDZ L 2MERAL.

S, ERBICB U 2 REEOENNE, RCFRENH
FORE N T HEEEEFEET 5.
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