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Internet Telephony Protocol using no Dedicated Location Server
IPSP: InetPhone Signaling Protocol

Koichi Kato*, Yuhei Kawakoya*, Yusuke Shibata*, Katsunobu Ishida*,
Tomonari Sonoda**, Yoichi Muraoka*

IPSP: InetPhone Signaling Protocol is a session initiation protocol for internet
telephony system among PC machines. It can be used for groupware and
corroboration programs as a common communication platform. Since such
internet telephony systems require extra servers, for example for user login
and location handling, it has not been commonplace to use yet. IPSP works
without any dedicated location servers, and it consists of common protocols
such as POP3, IMAP4, SMTP, and HTTP.
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