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CNN DO#% Table 1 I&R”$. AWK EHEHAF
HBIZE o TEREXNS Nch D~ X7 THD, HHZ 1ch
D7V Y ITNRAITHD. 2IROMBIE, 2 KTD
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Table 1 CNN O

Input: N-ch time-frequency masks, 800 x 512 x N

Conv2D 3 x 3 @ 32, ReLU
MaxPooling2D 2 x 2, stride = 2

Conv2D 3 x 3 @ 16, ReLU
MaxPooling2D 2 x 2, stride = 2

Conv2D 3 x 3 @ 8, ReLU
MaxPooling2D 2 x 2, stride = 2

Conv2D 3 x 3 @ 8, ReLU

TransConv2D 2 x 2, stride =2 @ 8, ReLU

TransConv2D 2 x 2, stride = 2 @ 16, ReLU

TransConv2D 2 x 2, stride =2 @ 32, ReLU

TransConv2D 2 x 2, stride =2 @ N, ReLU

Softmax

Clean
Noise

o

Table 2 KFEICL VEFHINERF DO PESQ X7

Multiply with input and sum

Output: 1ch time-frequency mask, 800 x 512

ZZTC, M e RFXT 37 v I <Ry, M,
RFXT B/ FHEICE o TERINEYRY, o, € RFXT
BT R 7B T 2EATHITH 5.
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RBEFEOFEMEZFMT 272012, ¥I2lb—T 3
VK BEBEIT o FHlifEfE & L T Perceptual
Evaluation of Speech Quality (PESQ) [5] %= H w7z,
PESQ 13 —0.5 %5 4.5  TOEKMETEI N, Ak
EWEE N> THERSTVWERTH L I ERT.

D7D DTF =Ry b2 Ial—2a il
ER L7z, 27V — Y728 & LT CHIMES dataset (6]
Mo 4 FEE D 330 %55 (16kHz, 16 bit, 1ch) %
72, MEF L LT, Freesound ' 2B X v m— K LA
VaFRx—0ME (Heli) LA 7 Y OENOHES
(Babble) 0 2 FEEIZ V7o, Zh o OMEIE 44.1 kHy
TREEEIA TS 16kHz XD H TV V7L
7z. SN kb3 0dB 425 XS5 IcE&%HFMiL, Fig. 2 1
REEOBRBEECTEAEZER L. CNN 0¥EIZE
I 247 T 4 A FIiE Adam E AWV, FEERIE 0.001
e L7z R LT R ERE R V.

ZYH Y TNANONROBFEMATFIEE LTXD 2 F
EEHWZ., 02D NN TYRZE2HET 3 Fik
(NN) [1] TH %. NN & CHIME3 dataset @ %% H
DEERE T — XL > TEHEINTED, bus, cafe,
pedestrian, street @ 4 FMEOMEZHAE LTV 5.
$ 50 o0Fky LT ILRMA [7] %7z, ILRMA
KT > 7 BB OEREERREIRETH 52— T,
K7 > 7 TROWHEEZ TICED BRI BROEGEEDH 5.

B E AR TFETHA LS e PESQ TiMiiL 7z

“Ihttps://freesound.org/
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Noisy | NN | ILRMA | Proposed
Heli 1.12 | 2.08 2.72 2.27
Babble | 1.13 | 2.32 2.58 2.64

F5R % Table 2 127”3, Noisy (Z5EFAFTOBMFH, NN,
ILRMA, Proposed 3 ZNZNDFIEIC L 2 HBMSH %2
£3. ILRMA 3K F > 7 7 Heli 1283 % PESQ 22
7 E <, NN ZBEAITdH % Babble 253 % PESQ &
ATBEN BTN D, £z, IBEFIEX, Babble 12
X LT NN & ILRMA QM RER EEl 572, Z DFER
WED, BEFER 2 FEOEMzERo~v R 7 24
MTE2Z RN,

4 HbHDOHIC

CNN ZHWERBEERE~ X 7207 3% v T %17
S HFHE M PIERIRRE L. FHliSEERIC X - T CNN 12
X370 ITLoEMEERL.
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