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NI FRE Jeks KR!

BE . 29 H2F51kEs (variational autoencoder: VAE) I A J17 — X OBEN 72 R % ZUH L
THETZ2 DNN TH D, BEFUEICERY S 2OMENERE2EITHELEAT LT, —ED
fefiE /g 2 e TE 3. fIRIE, BEEGEEOEORMEZR T AVEBE S TR+ 7 LR
(mel-frequency cepstrum coefficient: MFCC) OBTEFRH#HE % VAE TH¥HE 32 Z 2T, &I E DR
BEHEROL S BHLVEEEED MFCC ZHi7-IERTE 2. RAIZHE, VAE ZHVWTEESD
HFOE LT EI AT LAOMBEEFAKBLTEY, 2o—Flx LT, ANEED MFCC % VAE THERK L
MFCC KB EIZ 2 EREREBF L TWS. 20X 58I A7 4TIiE, EAEER, MFCC, RUEE
ZD 3 ODFERYRE AN T2 I 2 EELTWSY, MFCC 2B X2 -RICEEEBICRT -
DT, ARD 3 DOEERMEN O ART bul T L R2ERT E2R0END D, ZIUIBNTHZNE T
V. Z TTARTE, BEAREEE, MFCC, RUEED LIREARS bur'Z 22 FllT 2 F ROV
THETT 5. FrC, RS ERHMER AL T2 AAHERE= 2 - %y b7 — 27 %2 FAWRIER
RZ a7 LADTFRCOWTERWCHAET 2. 7/ ROFX—2HAVERTIE, mEBICIBNT
LB ERB R ICIRIBA R v 0 25 A FRIRIEETH 2 Z ¥ BRT.

Using Bidirectional RNN

KawacucHI SHOYA! KiTaAMURA DarcHr!

Amplitude Spectrogram Prediction from MFCC and Loudness
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JRTVS. PIRIE, MRS S L TR T g g
%EMRE T VR DNN Th 2457 HOAfF5{tas (variational Encoder A @& P

auto-encoder: VAE) % W72 a0 TER X
NTW3 (1, 2]. Fig. 112, HFOFFHZEIRIC VAE %
AL7=b0%717. Fig. 1 DX 51T, BEZERM LI
EIZENETNOBTOREERZ2 L TES. 512
ZEflbcid, T7) & T9) OREOMICHY T 2EBEELK
BEANTEZeT 7y v 19 OFBOFEZHTIH
HEND. AT, Z0X5REEEOHENEGROYEE

b BEEERR
National Institute of Technology, Kagawa College

© 2022 Information Processing Society of Japan

=

Fig. 1 The latent space of VAE trained with images of hand-

written numbers.
%, BIWFOFOESITH L CHEAT 22T, VAE 2/
WhEHILWEGAZER T L2 ) XA 0EEE HIET. LA,
CDIVRAT L% TREGEERS AT L) EER, 2REE
W AT L2E2HVWRZET, ¥RXR-—2V¥7 ./ OFEOERE
FOHLVWEBELROTEES AR TES. HITHL
WEMR O BEOHBICHG T2 TEL2EZ 5.
BEZERS AT 2 2FHIE, &5, 56, ROEFERED
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3ODREENSIREARY bu s S AOFRBLE L 72
20, EBEAREPIEFHTH 3. £ I TARETIE, BEREE
RS AT LITBWTRERIT S AT L LT, HiRo
3ODKRHEDS DNN 7a—XZHVTIRIEAXY b1
77 5% TS 2 FERERETS. DNN 7a—-Xe LT,
ZJE,8—+t 7 b v > (multi-layer perceptron: MLP) KX
BIF =2 —F 4 v bV —72 (recurrent neural network:
RNN) D 12TH%5% — MIEEFEH L=y b (gated
recurrent unit: GRU) [3] Z WA TAHRFHE =2 — 5
v b7 —72 (bidirectional RNN using GRU: BiGRU)
D2HEDOA Y MY —IHEERHEKL, YOk5kAx vy b
7 — 7 REENEREERIRIEA R b1 7T A O FHNIR
I DOWT, EERIVICHET 3.

2. BRI CELASR

2.1 XILEEET TR b5 LIRE

ROVIEEE T 72 b 7 24828 (mel-frequency cepstrum
coefficient: MFCC) [4] 1%, WA TREI
ERRUEREFEOFOORMETHS. BODOADR
HBEEARELZBEOHMHL TV 2729, BEECPERIZDED
KSR WVRBETH 5.

MFCC Z#EF 28012, F3 XVEREICOWTHES
%, AOVREBEYIZ, 1000 Hz OfFZ ST 2 SR E
% 1000 mel (XVREBREMESR) CERL, hzfkEr
U T ABEHEIR T 2 5 & 2 e — XoTina e is s i 72 R
EThHs. B f Hz © XOVERE m mel OXEREFRIX
KA TEFRENS 5.

_ I
m = 11271n (1 + 700) (1)
= 25951og, (1 + 7JOCO> (2)

Z D X VRN - CRERIRRIC = AIRD N Rt T 41
REEEE (K ) B LD DEX VT 4 LRV T Y
58,

%3, BEZ B IR Fourier 24 (short-time Fourier
transform: STFT) %Z#H LERERRARI v u /o746 Z c
CI %2182, R, FHEREXBONRT =27 1 (%
V—ARZ BT T L|Z|2DEFHNIRT FV) i, KD
AV T A NEREZNETNEALALIETANVART L
XN 5 K XnostofBEsgohsd. 22T, Ik
L J3ENZENAEBRE Y BRCRR 7 L — 282 £ L,
THNH T 2EEF |- |1 1ZERBOMHME L ¢ fEET.
R —ZARZ v BT 5 |Z|?2 DRFIRT L% XL AR
I INNZER LTS DR ANVARTZ v ay 5 n P e REXT
LI, ZoEHERATRT.

P = MelFiltering(| Z|2) (3)
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Fig. 2 DDSP autoencoder architecture. Red components are

noise

part of the neural network architecture, green compo-
nents are the latent representation, and yellow compo-

nents are deterministic synthesizers and effects [6].

MFCC &, XVARZ barF L P OKHINT ML
(BRNLZARZ ML) (ZHEB a3 4 »ZH (discrete cosine
transform: DCT) %##EH L THE LN ERFRKTH 5.
MFCC % C ¥ Rid L, ZOUEERRTET.

C = DCT(P) € RE*/ (4)

MEoZ#uzkhBohd MFCC I, EEmPE RO
B rlRER O PR L = F 0ICB$ 2 K RITORHHEN
R ERD. ZHRUEART—ZART PLOEKEE R KB
L-FHETH D, HEICH T 2 HmEm AL TV 5.

2.2 FE{LUERZE 1 : Differentiable digital signal pro-
cessing

DNN % W7z B ES5 DL FiE L LT, Differen-
tiable digital signal processing (DDSP) [6] 23% %. Fig. 2
12 DDSP O % R4, DDSP TlE, AN XI5
FErs, &m, &6, hoER (Fig. 20 F0, 2, KU
Loudness) ® 3 DORHELX > a—XTHIT 3. Z
D 3ODORHEIET A - KA S, HANCHbEAD
FO F2 U % OBEEUE D BIEED & 73 B BEUERLIE (Fig. 2 D
Harmonic audio) ZEREIT 228y, A IcEtars5
2% FIR 7 4 V2 DIREREL (Fig. 2 @ Filtered noise) %
W35, Z0 &5 L TH#HHRX Az Harmonic audio &
Filtered noise Z &K L, RBRIHBIZG U THREEZTS L
TEREZMNT 2. TRTOFEHAEER T X — R,
I DERE & A OEEESHCat R S h 2 8KEwS
NEL 7% &S RGE{LE N 5. DDSP KRR,
multi-scale spectral (MSS) B2 [6] 2SS TWVWS.

DDSP 37 a—X %zl L TI/RHN5 37 X —&X 5 Har-
monic audio & T Filtered noise ZBREILTHH, ZhiZ
ANTOBEEFEBEREREL /A XTATHIZEKLTWS
22T 5. 20 XD REEEEO AU EIIEE
REZBEBOERMPAEETH 5 KM, YNZTRTIRA—X
FIELIHELTD, FEFICY 7L RIEBHFOHRIIEL
O, NIHREEBEEPERSINATLESI T XYy b23DH
%. b2, DDSP BANEFEESOGME (¥4
P—) EHKTAIePENTHD, BRIVICEOEHRSE
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Fig. 3 Concept of regularizing VAE with perceptual metrics.
Latent spaces and variables in VAE are forced to be
matched to the perceptual timbre spaces structured

by perceptual ratings [7].

NEHT 2 ZEBARETH 24, HEEHEMATEHI TR
V. MFCC % GRU % TR ICEE T\ E 720, K
MDSEHAES & 5 R ECOBTERE O FIHIIE L.

2.3 LA 2 1 MIERA MUY IEANLSE VAE

VAE 13%8 7 — X B O G 2 Rt O 2 Kot B 7Y
TCHE S R & U CBTERMICHEDA L Z e AT E 3.
C DIFIEZEMIIZIOTCIER D ICHES Z & r 5, Fig. 112
YK ST E DR EL D & D T — R LA RET
HBH, MHARE U CHRTEZEEIIYER ORI TR 2 iE &
FEOVTWIRWE WS N D 5. ZDMEZBERT 5
7T, HIERBFOEMRETHNE LT, MIENX MY 7RI
5 EANLA = VAE 2HEE S AT W3 [7]. Fig. 312,
ZDOFEOWMER%Z/RT. Fig. 3 D LIZ/RT Perceptual
ratings 1%, WEDWE [8, 9] TEHEINZEI]EOHEMIC
B3 2HHEX Y 272 THS. HIL, BROKEEHDOH
B - HEERENIIL—T 4 Y7 LERERD T —
RTH5. ZOHENX MY 7 R%, ZRITRERRIE
(multi-dimensional scaling: MDS) TIEXITZZMNICE LS
22T, KX Y 7 22HED L FHZEM T %R
LTW3. 2612, BEEBDOARY L2 AT 2
VAE IZBWT, BIEZEB O MEENFEOEEZER T O
W& e BT % & 5, VAE 0B ICIEANLIE (Fig. 370
Ryo(2,T)) ZRE5LTWS. 20X SRIEALEZEAT
% Z & T, VAE OBTEZEMDFNHEIIX N 1) 27 2 &0ty
LN THEEIN, B WOHIENEREFETD
WD ESWERET V22 N TES. 2Dk
B, il Z1F VAE OETEZEM ETRIEIRE OB 2 T3
5 eR, H2HEMDOHOEBRNEGINCE BG5S ZE
LEE2 R ENEFTE, 1 ETHRNLAREOHYD
ERTE DAL D 5.

L Lah3 s, XHR (7] OFER BN EOORER
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Fig. 4 VAE for learning disentangled pitch and timbre repre-

sentations of music instrument sounds [11].

FOMBEX MY 7R 2HSWTED, ok BT —
REIET 23X MIIEFICKRE L RS 20w R
5. X5, FRNAEOORBIIMEAZEZZ S EATYL
57z, IEMREOZEMSHEETERVATREE DR S.

2.4 LR 3 VAEICLZEE - EROSHRRFE
AEEDOHMWCEBR L BFFEL LT, VAE ZHWT
B HEEMN TSN ZRB (timbre-pitch-disentangled
representations) OFFEBERINTWS [1, 10, 11]. Z
NSDOFETIIVTAD, Fig. 4 1ITRT XD, BEZFD
B EE S NI E R R R RRCE TV R S
52 EHMELTVS. DX BRAERETILOEEIC
BWTVAE ZHWS Z 2T, BHOEBEEMRUERD
BEZE Z M IS TE, 1 BEThRNAEARFEOHWICE
LT VERMRTE RSN H 5. RSN H
CEEDOBELRIET a—XDANTHREIN, HREE
SR EN A TH S.

Lo LRDMS, BiiROWThoFETS, DDSP TidH
WHNT2T Y AR (RN AREEZL) FEEIEoEE X
NTHELHT, 77 FARAHET 2REEEIEEI»ETEOV
TP NI T OBEBEZEFHLADOLNTVWEEEZ S
N3, BERESIIZ 3BRIEHO - &F - BB THLIL
», RENLZEEZMPARO Z0ERESLE] 20
IHIRITE 2 2 B I T E R VAT D 5.

3. REFE
3.1 RETERS AT LEEDEA

REEENK S R T LDO2ER%E Fig. 5 1RT. £3, A
Nek32EEEErya-—XIlL, B, 5, RUE
BO3OOKHELHMT 5. 20 3 OORMEICIE, B
REFE fo, MFCC, MU Z Y RAxRZZNZENHVS.
oI MFCC A% VAE I2A 1L, MFCC
DIBERIHEZFE T 5. WAETIE, BEARERE, VAE
THAME N MFCC, U5V RXRAD 3 ODRHELY T
I—RWZANL, HLOEEEEZEKT 5.

PUEPREFER S AT OB ETH 5. 2FEEI Fig. 5
WRTAJTE T (Original wave £ Generated wave) [
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DIEFHD/NE L7235 £ 512, VAE &Urijﬂb—ﬁ%%ﬂ%‘ﬂ
FET 5. FHBE, FEOBEER 2z 58 Lnikds
DBEESEERTEZ Z e ENS.

3.2 ARFTH/S HE

HIffi Gl "7 & 512, Fig. 5 DIRBEFER S 27 LTI,
FE, VAE oA E N7z MFCC, MU FAXRAD 3
ODORMED HIRIBARY b1 2T ABERT 2HEND
5. L LAEDS, MFCC IEE D AR ERITLEM TERE
LiFETH L e h 5, BE, MFCC, RUZ Y Fx
AD 3 DODOFRHYED SENINIRIBERARZ ba s o L% K
BBILETERW. 5T, 3 20RMEDSIRIEZR R
7 baZs B TT 20 00IME R A E T a—&
WCHWZRERET 5.

ARTE, AiROMEEZEROFS 2 EHME L,
Fig. 5 IR TIREE RS R T A% FET 5 FTHERA
R7%7 a—X% DNN TEHT 2 HHEIC OV TERINICHK
5. bbb, &, MFCC, XUV RARXD 3D
DRMED LRIBRARZ bn 2T L% EHEICTHIT S
DNN O#fx HiES. ZOARRETH D %S EHIW% Fig. 6
RS, BB, AFETWMOIEKS 7a—K1& MFCC kU7
Y R A% AN TS DNN ZEELTWS. HEDRHHY
B THZ 5, DNNDODANICEZ 20T
72, BEBEHICHEE L DNN 2EINT 2 72DICHW
3. Tibb, TO¥EINLEREMKFED DNN 2 85H
HL, WIh2D DNNBANOESEICE D EREINS.
ZDXIBRAFRERS Z T, DNNIZEIL Fa—Xik
BEICS 2N ERE 28R 3 2 0072 < 2D, &b &
FELIRIEARZ 0275 AOFHIAEEEICR S L EZ S
3. Fa—xr LTHW DNN 2, MLP % DNN &
O BiGRU 2! DNN @ 2 fEfEZ D v, TR E % K5
iR s 5.

3.3 DNN &< F7a—4

L DNN Fa—&Xp AciE, 2.1 HiogtEAEEH
W MFCC oY FAREZHWE., ZORKDZI Y FEX A
& DDSP OXHRHDI7i% [6] & D bffiB Mzt ke L
T, XATHET 3.

I
v =Y |zl (5)
i=1

TIT, z; 3 ZOEFETHY, i = 1,2,--- I RV
j=12- JEZEhZhABEHEL DA T 7 AK
UK 7 L —2%R3. —7F, MFCC X7V R RDFE
PR T 2701, XADKME 7 L — a2 BOEFLE L
J2ARZ va T T L bRD B,

By =2 (6)
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15, X (6) THRLABIERLEARY -7 s
5122 ZHAWTR (3) KU (4) 225 MFCC 2R 5. &
D MFCC % C L ##T 5. 2R DNN Fa—X DA,

MFCC & 5V AR 2R THE LITAIE § 5.
é K+41)xJ
X—lwﬂeR(+) (7)
ZZT, v=|v,va, 0T THS.

AR 2 R DIEE DNN 72— XD 5 5 BiGRU I
DWTHMZH T 2. BiGRU &M A M RNN (bidi-
rectional RNN: BiRNN) O —fT&H b, MFCC @ Kff]
HED & 5 RN RIORITTEFHEO AR LT,
ZORFNFMOBRmEEERLI-FENITE S, #WE
Mo ARKDHE (EHHE) O RNN O H % i 2
& JIEZ h(forwdrd) h(forward) h(forward) v L, KEkho
WEDITHE GEIE) @ RNN O H % Kk & EIC
h(backwdrd) h(bdckward) h(backward) t_?_%) 3%7;?% DNN
7 a— ﬁT@,T()@X%F@?@iD WA 5.
BARINICIE, Fig. 8ITRT L3512, X OFEME j 1B 3
ANRZ bba; 225 420D GRU 2@L T, 4l jics
FBHIIRZ bV hy ZHNT %, 20K, BiGRU TIE
FEDHSR 2 b R RO O H RS b oL
R D) s HTSh, 2 OBERBEORER 77 F L
ZIREE j O RZ PV Ry ¥ LTS . 7238, Fig. 8D
GRU OHHIRZ PLVOBEZFIIETT LHREL TV S.

2L DNN 7 a— X D%EE Ti%, KXo MSS v 2 %1H
EREE U IR

Luss(y,9) = ly — 9l +|logy —log gl (8)

ZIT, yeRY R geRjEdzhZOAT L FHID
RIBARY a2 8%RT ML LEDDTHY, ||
=8 L1 AN %i%j_

4. RIEANRI bOJ S LTFRIRER

4.1 SEBRZMY

ARETIE, IBEZDNN 72— XDIRBFEART +u 5
LDOTHREERMERT 2 2DDEBRICOVTIHBRS. K
FERTH W 2 2235 155121&, musical instrument digital
interface (MIDI) FHJH®D Roland SVC IZ& FN 25 HF D
5%, Table 1 ITRT 7/ 4 BENOF X — 4 FBEOH
S FHD IR FT # H W=, 20 MIDI HiF 8 EiED Zh 2
SR L T4 BEOGIETEOR (L IR 7 — R E
L, GEfTE 7/ 20 BER X Z— 20 EEOGE 40 &
HORBEREEER L. BOZLomEE, (KR
i, SR, a— 7 R, ROREMNNO 4 fEE Y
L7z, AELZZ40 BEOEHEOW, ©7 7 ISENUY
& — 18 FHH DG 36 FifEE ¥E 7 — & & LT DNN DO
BLICHY, Bbov¥ 7/ 2 ERUX 2 — 2 EDE 4
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Fig. 5 Detailed process flow of the proposed sound generation system.
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Fig. 6 Training process flow of the proposed DNN-based timbre decoder.
— — S S )
Generated 2 g 2 a E q
amplitude [G] (O] o o ?:-'EHO\
spectrogram o ° ° ° = O\
@ < ] 1] ] o
E g g = Sl X .
~O <] ke S <] = . ~O =
8 po o o = 3 X O 5
[ Product | [ Product | Product §O 2 S & g 5 £
5. BB SA)) s o3
> — e — — F et
(backward) = ) =] =) =) 32
hy 20 R [4 [4 74 % -2
(forward) = o o o o 2 TC)/ 8
(mferv=?)] Ol v l=lulzlhlzlnlel s O
I 9 @ IS C)/ X
@) S E H 2 5
= < < o
GRU — GRU — s S S ] z .
o Kol Rl o g .
3 ° kel <
GRU ----+ GRU 2] L& & & |80
o
¥ T

MFCC

Input data X
Fig. 7 Architecture of BIRNN used as the DNN decoder.

M T2 T =XV BFEEC3 25 B5 £TO
36 &% MIDI &2 SIER L7223, AT G4 HOFER
DAEERETZ. MIDI HE»SERLEZEY Y 7Y v
JTRBED 441 kHz TH D, 7 ¥R % 120 bpm & L7FR
DANFEF 1 OTHEREINT 118 s DHEFOEEFEESTH
5. kB, FEEEFEBICEHAT 3 STFT KU MFCC ~ND
ZINZ W= 5&F% Table 2 1Z7R T

MLP FFRENE 3 B e o Eh, BROEoXic
BUIASIHD S 1024, 512, MU S512 IKRE L. Tz,
MLP ¥ BiGRU O2EIZ B W TIEETEREEIZ ReLU % A

© 2022 Information Processing Society of Japan

Fig. 8 Data flow in the multi-layer BIGRU at time frame j.

Table 1 Instrument type and name of MIDI signals used in

this experiment

Instrument type Instrument name

Piano Pianol
Piano Piano2
Piano Piano3
Piano Honky-tonk
Guitar Nylon-str. Gt
Guitar Steel-str. Gt
Guitar Jazz Gt
Guitar Muted Gt

Wz, i bicid Adam % v, 50000 =Ry 7 THET
IVEEE LT,

4.2 ERER
Figs. 9 kX 1012 heh, B EAD MLP KU BiGRU
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Fig. 9 Example of spectrograms of piano test data: (a) input, (b) predicted by MLP,

and (c) predicted by BiGRU.

Frequency [kHz]
Frequency [kHz]

0.5
Time [s]

(a)

Table 2 Conditions used in STFT and MFCC calculations

Window length in STFT
Shift length in STFT
Window function in STFT

23.2 ms
11.6 ms

Hann window

Maximum frequency of mel-filter bank 22.05 kHz
Minimum frequency of mel-filter bank 0.00 kHz
Number of mel-filters K =64

KCHLTTFAMF—ZFHOE 7 ) RUEFX—D G4 FDIR
2R ba 2o sk AN LEBOTHEEROHZRL T
W3, WIThOEREATDH, MLP ZHWVWRIEARS
Fa s ADOFENIEBRLTVE. 2D &S R THIKRD
EMEFEE 77— 2 LT EETH D, MLP ZHWT
MFCC & 57V RARXDAHD HLIRIEARS ba g nzTl
TRZEDIEFICHETHL B RELTWS. —F,
BiGRU ZHW/=-FHITIX, ¥7/ eFZ—DlZED T
A b7 — R CHEAES R R L EMICTHITE T
W3, ZHUZ, BiGRU 25 MFCC MU'T 7 K 2 DR
MOEHEEZERB L OOFETE LI LITERLTWS.

BHbIC

ARTI, VAE KRS EREOBOAEHNE L
REEFERS AT LIZOWTHHAL, ZDEBTHE LG
BYATLELT, EE, B, RUBEED 3 2ORHE
DOIRI|EARY vy urS 4% T35 DNN 7a—X%1E
RL7-. SHROBEL LT, ERINEEESOEACHET
BEBIHMI N CRRE LR S R T LA DOBENEIT 5N 5.

5.
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Fig. 10 Example of spectrograms of guitar test data: (a) input, (b) predicted by MLP,
and (c) predicted by BiGRU.
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