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1. ELBHIC

U INF v FNVFRSEEIEBOFREEMRA S
TBHEE>» S, SEHEOMENOEES M T 254 TH
%. %, deep neural network (DNN) ZFHW/i=> > 7L
F v AVERDEEE T APZEIRE XN, S0 HEERE
ALTW2 [1-7. BESEIEEMOY I v 7 X HE#R
Ak BRI ER AT TV = a VORI E LT
AN Z B2V, 200D, A7 TV r— 3
VTR INZEFEESICH L TCHEARRETH 2 Z e h
=252 AN

BT BRI EEEE OEERMRERED 1D
THY, 7V r—2a IISUTEES. flzE, 2
DY Iy 7 ZARRETIIABOAERE # N—F 3 44.1
kHz % 48 kHz 2#HEMEH N2 [7,8). Zheso7 7Y
=2 aYFEAEPES R BELTWEINOTHS.
—7, BEEBCEThINEORBEENE L7 7Y
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r—3ayTiEHT LD TORIBOIERIDETIX
W, BE—=hbT v Fr T 16 kHz [9], HEHRGETIX
11.025 kHz % 22.05 kHz [10,11], HHEFE#TiX 8 kHz %
16 kHz MEH XN TWS [12-14]. NWHMZFTLEE LT
FRDMEZ V27201213, Zheny > 7Y v ZREIRE
DOEEEZ I L T—H L TE#ET %2 DNN ElESHEE T
NEBETIDERD 3.

ek D DNN HESEEE T, 87 —X20Y > 7Y
VI RBEEICHEHL L THEEINTWE 20, FEHF— &I
BENRVY VTV Y ITHRBOEBICN L TGEATE %
REEZ 2. 2, /RO DNN Y~ 7V > Z R
BRI RXA=—RE LTHK->TESHT, DNN 2HHKIT 2B
BEOY > )V TREBOSEEEE LI TES X511
FEFEIN TRV TH S, EEDOY VTV ¥ TR
DEEEZ L T—E L TE#ET 5 DNN 2EEH T 57
DIZIE, Y7V IR ERBCRR LRSS
RERD 5.

UKL T, FAIEHE—d DNN TIEEDOY > 7Y~
TN BOEEEE RS 2B TES, 37V I
FEREOERTE (sampling-frequency-independent: SFI) &
AABBEIRE LT [15]. BAAABRIEROTY 2L 7 4
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Fig. 1 (a) Schematic illustration of SFI convolution layer, and
(b) architectures of SFI audio source separation model
[15].

IVEMBIRDB T 4 INVENY 7 UTHIRTE S, 7YKL
7 4 VR PER S NS BERIRREITEIEE, B 7Y v IR
B3R Ths. 207D, +> 70 v FREEREH
WL BERTELZT7FR T I 4R YUETI XL
TANRDEET B, Thbb, UZTIRLT 4 VLRI
WNLUT, 79077 4 VR0 7 4 LR AEREREREA
T3, ZHUCED, BTV Y TR LR WIBTE
W7 4 VAERBEEERT 2. ZORKREBEAAAEICH
BIALZ T, ¥V VI TRBEICIHRE R BEAAALE
PEHTE3.

SFI B AAAE % FW/- DNN HR7EEE 7V (SFI &
FEoBEET L) T, BET7T—XLbhdvEwir>r 7y s
BB OESE ST 2B/, FEF—R RS
V2 I THEBOES 2 LB e RS0 SBEEEER R L
Jz. =7, FET-2ID SRV VT U TREERDE
FW LT, 7Y TRBEDMEL 2 513 o HEE
REAME T L7 [15].

AT, ZOMBEZRRT 27009 e LT,
¥ U7z SFIBEAAARBIZH L, MREIED Nyquist J&TE
BRMOHRDEBRER S 7 Fa 7 4 L ZXDAEEHVS
FHERRET 5. ¥, BETHFERIC X VREZFEOR
e MEES 5.

2. SFIZRDHMETI

2.1 SFIEHAHEDEE

SFI B AAAEX, B—0 DNN THEEOH > 7Y v
BB OEEEES 2N -DIIREIN - BARAAET
H5. BOPTEIANFEE L BEAOMHBMHEBIH X
5. TDi=H, BOEAYE, REKIELZA ¥ OLANE
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CLETIRLTANRERRTES., TIRLT 4 LR
R EI TR EIN D 120, TV VIR
AEMWKRFELTBY, ZOEBROEEY > 7Y > 7R
BUCIHKIE G R T A Z 23 L W, 22T, B>
TV ¥ Z TSI L VR R EIR T ER I NS T
FURTTAANERNE, FIRLT 4 LR E L TEABER
INZBELEALBEAAAEE LT, FAlLSFIEA
ABBEIRE L. 770774 021, BAAAEDE
HOTEENR 7 4 VEZRRE UTHRES 2720, AFETIX
BIETFu 7 4 VRRFLIER,

SFI BAAAEOEEK 1 (a) ITRT. SFIBAAA
B E G R R T ER S A M) x MO f{o 7 F
BT 4NVEDA VRV RIBEP DEREINS., 22T
M)y pewt) 3zhzh AN e HHDF v 234 XT
H2%. SFIBAABLEIEIRD 3 AT v T THERINS.

@) AHEBOV TV Yy IREEECGET, 7R
T7 4 NEPHRE L OBERIRGRE A > L 205
BERT 5.

(i) AR X =B A > oL R E R R REE L,
M) s M) s [ DB 4 X DB AIABJE DE A
PERTS.

(Gii)) A7 v 7 (i) TERLEZEAEZEFEDEAIALE
DEALE LTHHT 5.

MEEAAABICEL TS, FRICEET s 7 4 L&
KHZHWS Z 2T, SFIIKERAALEITHIRTZ 5.

2.2 AVNINAFREEZRVEBAHAHBDODEALER
AL, 7 4 VEABEITFIELE LTA Yo ULRAR AL
ZHW SFIBAAAEEZRE L [15]. BTV VIR
Wz T, BEEEOA YTy 7R %=1, , L, Hik
MZteREFTE. AV VAREEICK 2, BB
A VOOV RIGE R[] 37 Fa 7 4 V& g(t) ST O
K (1) > TEREINS.

hll] = g(IT) (1)

YTV IRAMT #E2 %528 T, Bz TV oy
JERDBERIRFE A > VA REME SN S.

2597 () BIB7FArT 4K g(t) £ LT,
multi-phase gammatone filter (MP-GTF) [6] W54
7z. MP-GTF O A ¥ > OLRAIGEFULTORK (1) TREN 5.

gMP-GTE) (1) = P~ =27 o (27 ft + @) (2)

ZZTal3RIE, pld 7 4 VXXE, biE NV NI, f
OB, o BMAMMEERS. £, T X—
& b 1% equivalent rectangular bandwidth (ERB) A% —
)V [16] # HWT b = ERB(f)/1.57 TS5, 22T
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ERB(f) = 24.7+ £/9.265 TH 3. HULFEE f £ HitH ¢
DiAGEbEIIH LT, gMP-CTE () % L H1TH > TV >~
75T, BE L OBERURE A ¥ oL R REDR S
3.

SFI BAiAAJE% Conv-TasNet [3] ICHHAATEHE (2.3
HiziR), BAIAAEDEZIIZIEELBEE Y L T rectified
linear unit (ReLU) AW SR TWS 728, MP-GTF O
HAODAED 0 2D, AJEEOERBRELS L. Z
DIERDRE R RET 2720, &7 4 VX UTHH, 5
b B FE—HLEEBDD ¢ + 7 DiHERO 7 4 V2D
W3,

BAAABBEDEF ¥ AL mIZE>oTERD gt) ZHWV
2728, gMP-GTR) () 12 LT, 4 ¥ F v 27 ZAmEHOVT,
GNE-CTEY ) s Do B s b EFIT 2. SCHk [15] &
FIREIZ, RRETD fon, dm ZFEET 3.

2.3 SFI 2#IAHBD Conv-TasNet ANDEH

B, BHFCNLTEVWIREEEZRLTWS DNN &
JR7THEE T L TH % Conv-TasNet [3,17] IZ SFI BEAAH
JEZ8AT 22T, SFISEHEDTEEET VNIRRT
% [15]. Conv-TasNet lFT>a—X, Fa—&X <AF>
TEY a—ADbRE. Trya—KeFa—xiE, ko
PR R e Z O A B L 72 D D L fRINT % 5.
Iy a—RFANNMEEZ 1 KTBHAARE (B —11H A4
ALEAFIA RFW Z28HD2) ¥ ReLUIWKC X >TN F %
2O R B BRI AR T 5. 20k, &R
CCICHEIN R AF Y I EY 2T ko T, BN
TR RERIRICN L T~ 2 7 W A Thh 5. 2%
VIEY 2-VIIEHAABETHREINSE Tey 7 RE
TR EN, K70y 73RBS % dilation
HREE DD X D 1 RIT dilated B AIAAE TR XL
5. BARAABDO 70 v 7 OFMISCR 3] BRI hi
W, Fa—&%, SAZAEIZE VRO =Ty O
R 2 R R R R, h—A NP A XL A T4
FW ZdD 1 RTlnEEAAAEIC L - T, REESIC
ZHT 3.

Conv-TasNet % SFI EIE7BEE T VICHRR T 572012
X, TVa-—XDBAAAEE T a—XDLERAIALE
T, TNENSFIEAAAEE SFIILEEAAALEICHE X
Lz Ew (K1 (b) B2R). SAF U F7EI 12—,
SCHR [17) THW S 7z Conv-TasNet & [f]—TdH 5.

SFI ERDBEETVTIE, H—ANATF A XL AT A4
R W Z0BERROY > 7Y ZRABEBICIE L TEETE
3, Tya—XrFa— X IREEEEEZERIC ST 57
D, Lt WERZEhZFhI7L—LaR2I7L—L> 7 A
RED. LT, HERHC L & W & EiRERfER T
F¥REFE—YR2EICHEITL2ZT, YTV VI
BB ED > THYAF V7Y 2 — W AT I 2 EEEL
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Fig. 2 Frequency responses of first 220 filters of trained SFI

convolution layer at sampling frequencies of 8,12, and
16 kHz.

R ERBERRO 7L — 2B 7L — L4y 7 F 2FA—
IZTE5.

3. R’EFE

3.1 B

A YOOV ARERE, R (1) WWRTHIE, 7Frr 7
NREREOY > 7V Ty YV 72 T52 L
THIETRTIRNT 4 VEZER/D 7 4 VRKFFIETH
5. FDH, ZOHFFREIZA VTSI TEE
BLTE5F, Nyquist B LD & EVEFEEKS %= D
DT7FOTT4ARNSETIRILT 4 VR EERT 2R
X, TAVTIUIIUIRRID S B, K 2%, EEHIZ
ko TE o7z 8 kHz, 12 kHz, 16 kHz OE5% 7HES
BEDT Y a—&KHND SFI BAIAALEDEFEISETH S
GEBREMFITOVTIR 4 ISR, K2 (), (b) IIRTE
D, Nyquist FIRECLAS Z e B2 72D BB 5o
7Far T 4 NRIIWHIET BT IRILT 4 VR TITA VT
ST INRRETWS, DD, FHF—XEDD
B> 7Y FREBEOES 20T 25812, <X
FUTEY2-VE, IDRLEBSEEATREELHV
THEEEITS i 3.

R EEMTOI A ) 72 2%, DNN ZHWn7=5R
THfE (5], HERENEK, oA RRIEREEK (18], BIREREK [19] 7%
EDRAZIZBWTHRK T 2SR T epHsNT
W3, Z0710, AT A V7SI RRBT 528
SFI HIRDEEE T NMTEAL, ¥ET—2 XD dEH >
TV ¥ T TREET OB T OJRR 2 #HE S 5.

3.2 PUFIAVTIOVITHEEBEDEA

IAN 7YY TDEBD0, FEKED SFI B AAAE
R LT, DEENSRIES D Nyquist JETREOR O FulyE
Baeio7+nur 7 4 LROATHEERITS HERIRET
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Fig. 3 Frequency responses of first 220 filters of SFI convo-

lution layer with anti-aliasing mechanism at sampling
frequencies of 8 kHz and 12 kHz.

£ 1: B TFIEORB

Table 1 Features of Conv-TasNet, SFI Conv., and Proposed

Samp. freq. Anti-aliasing
Method gm(t)
adapt. mech.
Conv-Tasnet [3] - No -
SFI conv. ggnMP-GTF)(t) Yes No
Proposed g MP-GTE) (t) Yes Yes

3. BEFETE, EFLo#HI Iy a—&KrFa—
ROEAIELT, MET 277877 4 VL XOHFULETR
B fr DITEENRT B 5155 D Nyquist BB L 23
TA4NERDEAZETERICTEILICED, 24 U7
VX BB RET 5.

K2 (a) & (b) HLT, REFEEZEALLED
T Y a—XHNOD SFI BEAAARBOREIFEEISE LM 3 (a) &
(b) 1TRT.

4. RERAYFYHE

4.1 EBREH

HENHEAO T — &+ v +TH2 MUSDBIS-HQ [20] %
FH W T SEBRIVFH 2 1T - /2. MUSDB18-HQ & 86 D%
B —&, 14 HOBGEET — £, 50 DT 2+ F— X5
D, &M vocals, bass, drums, other ® 4 DDIKIRM S
ENTWD., FEF—XEMELT — XX 16 kHz 12, 7
AP F—&1%8,12,16,...,32 kHz IV H > TV 7 LT
W7z, %77 —%% DNN AT 388, &#hEH0, 4
1 O R T o 72, FHEEENCIE signal-to-distortion
raito (SDR) [21] Z i\ 7z. SDR ®DFFHIZId BSSEval v4
toolkit [22] & W, FEBRICHWZ TR LT, 48
AL — FTHEERZITV, 43— FTOD SDR O
3R £ DFED SDR & UTEHE L 7z.

tFE Y UT, %8 F % (Proposed) &, SCHR [15] 12
TREINLT7 VFIA VT TEBEEAL TORY
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Table 2 Hyperparameters of masking modules used in exper-

iments
Symbol Description Value
N # of channels of latent representation 440
X # of convolutional blocks in each repeat 6
R # of repeats 2
B # of channels in bottleneck and 160

residual paths’ 1 X 1 convolution blocks

# of channels in skip-connection paths’
Sc . 160
1 x 1 convolution blocks

T

# of channels in convolution blocks 160

P Kernel size in convolution blocks 3

SFI & #EE 71 (SFI Conv.) & Conv-TasNet [3] % F
W7z, Proposed ¥ SFI Conv. DAE1Z, Proposed T
el ic 7 Y F AV TS R BT 2 RDATDH
5 e IEREINL V. RIS ETOTRIIH LT,
FEHNRDEEZEE LY 7Y Y ZREBRC VYV S
NETDT, RAOY 7Y Y EEROES L%
AN L7z, HER 3 FEOFRHER 1 1TRT.

ETI, XK [15] 2 [A—0 7 — XILRFEEH W,

SNy FIIE, Bl S TR A8 HYIDED, <
V—%Z YR AZ[0.75,1.25) [ LIEBE AW, ¥z,
AT VABROEGEDF ¥ FNVD 557 VX AGEES N

72 IABEFEERHV, I =Ny FOEFITBWTHIRT
ML S VXM %y TN LT

BFEOEETIZ, 16 kHz DEBIIHLT7ZL—4E
Mboms, 7L—AT 7 M 25ms B E5IZ, DD
L=80, W=402R2 L5 >ya—Xe7a—XD-
TRA=REBRE L. SRAFVYTET 2 —LDRITA—=K
&, SCHR [3] @ Table 1 E[AERD$F X — & KGLZ2 HWT,
£ 2 DRRICED T,

gMPCTE D ¥ p (m=1,...,220) BF vy b7 —
7 RARRCEE L. £, 228 TR X 512, £2TO
MAZBA LT frug220 = fmy @mao00 = G +7 & L, HWITHAHH
DT 4INVEBIFET D EIICHKEIT L2, fn & o DEEFIZ
SWT, 50 Hz 25 8000 Hz 12523 T ERB 27—V [16] 12
BOTRENITHZ L5 9 (1=1,--,48) BT,
P = I i ar B35 KDWHIEL 2. 22T, iizBn
T < f THh, m=1,...,140 (m = 141,...,220)
CBLT, K=5 (K=4) Ths. £7, ¢p ZEAL f°
X LT [0,7) ORPITHEIR S & 5 1coliltL, fho
NRIX=RE apm =1, pp =2 EREL .

SRR ORGE I, ST [15] AR, RAdam [23] & looka-
head optimizer [24] Z Wz, %72, A7V v ¥ 7% H
W, BELD Ly JVADES 0L RT3 X527 2
FRD A7 Y 2 — 7121 stochastic gradient descent with



BRLIEFRHERRS

Vol.2021-MUS-130 No.32
Vol.2021-EC-59 No.32

IPSJ SIG Technical Report 2021/3/17
—4— Conv-TasNet —§— SFI Conv. Proposed
5.0 ——— e 3.5 ——e
45 5 5 3.0
54.0 o4 o o 25
33.5 E 34 E i
@ 3.0 3 = —20
B2s a 5 Q3 Q1s :
2.0 1.0
15 1 2
05
10 15 20 25 30 10 15 20 25 30 10 15 20 25 30 10 15 20 25 30

Sampling frequency [kHz] Sampling frequency [kHz]

(a) vocals (b) bass

Sampling frequency [kHz] Sampling frequency [kHz]

(c) drums (d) other
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Fig. 4 SDRs of Conv-TasNet, SFI Conv., and proposed model for test data at various

sampling frequencies.

warm restarts [25] Z Wz, RELTFEL FEEOR 7
Ta—7 DRI X =R B [15] THOW SN0 Z Ve,
BTFEOYBIZBWT, Ny FH A %12, £ XL — 3
V% 250 ¥ L, $EKEEIL scale-invariant source-to-noise
raito (SI-SNR) %W\ 7=,

TAMTF=RICEATVAFREZHY, €/ SAVEFFET
2B L7 DNN Z2EF v 2L e HF % 2RI A A L
7z. SI-SNRIEFR T — AV AETHH, BSSEval v4 toolkit
THEHXN2 SDRIZAT —IWIKETH B 720, K
A DTEEEICR L TR —b a; ZHWTERH
Exffor [17. 22Taldse R 2HEMNSRORS
%, 5 cRT 2HWESL T, UTOR (3) TiEah
5. T 3HHESOESREE2RT.

i=1,...

o = arg min(s — $;0;5;)?
«

3)

4.2 EERER

4ITT A M T =RITT BREERER RS, & SDR X
4 DR — METHE L ET 1D SDR O TH
D, T —N—IFHERAE R RT. FHRIFE T — &0V
O ZREBEE (16 kHz) Z/RLTW5. Conv-TasNet
T, ANEBOH YTV ¥ TS 16 kHz 205 K &
<, LN ELRBIZONTSDRABKRECEA L.
—7 SFI Conv. ¥ Proposed Tl 16 kHz D{E5 D AT
BLZC 220 56F, 16 kHz 705 32 kHz DIEEITH L
T, 16 kHz DfEE5% 77 L7 ¢ [FIF2E D SDR 2R L 7.
OGRS, R [15] TOHERL, ANEEOY T
VY TTRBEBIE LTy a—K e 7a—&0 SFL &AHiA
ABOEAREET LI LICE->T, ANMEEOH 7Y
VIR EEZ TS —H LU ol E RS o hs o %
TR L 7-.

L% L SFI Conv. Tl&, ANMEEDH 7'V > FTEEEK
7516 kHz 22 5/ £ 7251200 T SDR 25, R 8 kHz
DIEBZ AN LRI KIEICEA L=, —7, Proposed T
1%, SFI Conv. &L LT, (¢) drums= (d) other ® 12
kHz D& %RWT, 8 kHz % 12 kHz DEE %2 7#ES 5
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B, Xbh—HELZSDR 2RL7%. ZHEROD f, DRAHE
M 8 kHz RifiTH o 7=7=, $EEFEIZ 8 kHz & 12 kHz
DY > TN ¥ TTABEDEZ TN T 2 7HRC D AW
ORI, TVFIAV TV IEEEEAT S LIS
b, FEF-2IDBEY VT U IHBERDT — &
T 2RO THEEREDIR T 2K TCE 2 2 2R LT
W3, L7edo T, IBEFIEREEA LA VUL ARETR
ZHW SFIEAAARBIZED, EE LY TV V7
BRI TH—H L TENES 2 DNN VBB TZ 5.

4D (c) drums & (d) otherd 5, 12 kHz DIES%
AJIU7B, Proposed % SFI Conv. & b {K\ SDR %7~
LTWwW3. ZOFKYE LT, drums ¥ other DEEIZE W
TiE, FDEBEL f,, 55 Nyquist BIIEECLAD 7 4 V2 H
THEEREICKRECHFELTED, 7Y FIA VTV I
MOBAIWLED, BT 4 VZBHOWLNKR L RoT7®,
DREMERENMET L2 EZ N 5.

5. %&im

AFTIE, SFIEAAAEZ W SFI HRDHEEET L
WHBWT, ZET—X LD RSV ¥ TRBEDE
BENHET 2RO HEMREDIK T 2RIk T 5720, SFI&E
BIARBADT7 v F AV 7 IEBOBEARIREL
Jo. BEFHER, HERRFIYERO SFIEAAAEIIN L
T, SBEESRIEE D Nyquist JETRERE O OB ECE 1
DT FUT T 4 NRDATHEERATS . BETREERIC X
D, ZPH%D SFI BAAABIIH L TREFEEZEAT S
Z & T, SFIERDBEETADYEH LY > 7Y v IR
BLUNDEETH B LTEET 2 2 2R L2

B AWFZEE JSPS B E JP20K19818 DB % 5%
J7=.
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