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Abstract: In automatic speech recognition, an adaptation is important. Feature-space maximum-likelihood
linear regression (fMLLR) transforms acoustic features to adapted ones by a multiplication operation with
a single transformation matrix. This property realizes an efficient adaptation performed within a pre-
precessing, which is independent of a decoding process, and this type of adaptation can be applied to deep
neural network (DNN). On the other hand, model-space adaptations (i.e., CMLLR) improve the perfor-
mance of fMLLR because it can use multiple transformation matrices based on a regression tree. However,
there are two problems in the model-space adaptations: first, these types of adaptation cannot be applied
to DNN because adaptation and decoding must share the same generative model, i.e., Gaussian mixture
model (GMM). Second, transformation matrices tend to be over-estimated when the number of transforma-
tion matrices is large. This paper proposes to use multiple transformation matrices within a feature-space
adaptation framework. The proposed method first estimates multiple transformation matrices in the GMM
framework according to the first-pass decoding results and the alignments, and then takes a weighted sum of
these matrices to obtain a single feature transformation matrix frame-by-frame. In addition, to address the
second problem, we propose feature-space structural maximum a posteriori linear regression (fSMAPLR),
which introduces hierarchal prior distributions to regularize the MAP estimation. Experimental results show
that the proposed fSMAPLR outperformed fMLLR.
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1. FU®IC

I B W CHEID T, FEETVOFEE T —
FEFMT— 5 MIZ, SAY Y TFAESHLELEICBWTEHE
MTHH 1], [2]. BELTEE, ETIVEROEIEE
BZEBOBILO 2 FEICHEINDG, TV ZEH O
ORFEN LT TH 5 RCHIEMYF (maximum-likelihood
linear regression : MLLR) [3], [4], [5] {&, 77 ARE
(Gaussian mixture model : GMM) 12320 { FEH TN D
Pl A CIRE SN TE 72, MLLR TlRRERICED S
7 AG3A S E\CHBOBIATHI R HEE L, 2 S ORHAT
% 5 ZA5AEDOFHN s FVICRET LI LT, B0
ZEATH &2 V2356 £ 0 @B EID S TTRECH 5. L
ML SO BTV B b LR LR T kA 1E
W25H 5. ZOMEEFRT 5720, BIRAOKHEEZ T
LRSS AT T U —F 2 EAT5FEIRESNT
V5% (6], [7], [8]. HEREAYFEMER R AHIZOE (structural
maximum a posteriori linear regression : SMAPLR) [7] 1&
MLLR DR T® V), [FAROARMEIZHED { FHhini &
BAT B LT, ZHAT5% MAP (Maximum a posteriori)
T s, ILEEBETVOFYNRT A —5 DA% KR
3% MLLR %, V¥ - 5HOM 8T 2 — & % 543 5 il
#17 & MLLR (constrained MLLR : CMLLR [9]) ZJL3E
WHETH LD L [AKEIC, SMAPLR b #l#1F & SMAPLR
(constrained SMAPLR : CSMAPLR [10]) IZHEBRTE 5.
CSMAPLR 13 CMLLR % SMAPLR £ V) &, Z#HiT5 %
TEMICHEETE DI LRGN TwE. Lal, #E
DEHATH & F A 72 B 7OV 2R O I E GMM ISR L L 72
FHETHHZ Ehn, INL0MEETFHEEZ GMM LYtodE
BEFNVIENTLZ L IIRNEETH 5.

— 5 CHY R SR O, SIS A 7T — NS
SHECEDL 2D, WHARLEBEET VI L TCOEAT S Z
EWTEDL, T2k 2 1M EZER O MLLR (feature-space
MLLR : fMLLR) &, H—OZHITH] 2 FaE~ s bvic
FHETHIEICLYER SRS, MBI IMLLR IZBHES 5
W7 Tdh 5 IMAPLR [11] X fMAPLIN [12] T, @7 —
ymAD e ETB W TEIRATHIOHEE O TEE M % 7]
FEELZZEPRENTWES, FTETNVEMOBEIL &
fMLLR % A& bE72FE [13] bREI N TV LA, 2
DFETIIFERE 2 EHLRT 5 2 L3 TE R,

ZDF A TOMIBIE, KR ET ML TH L D5E
JCNEECH 7274 —F =2 =T H v b T =7 (deep
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neural network : DNN) 7 EfEZFOFEE T IV LTDH
BHIZHEATE, IMLLR 12 & 2% 0O #= % DNN O
HFEETNVICANT S L OFEIHE STV 5 [14].

2512, IMLLR @ & ) Zi#f2E % DNN (ZAL A AT
F#: L LTLIN (linear input network) [15], [16], [17] &
REINTBY, FHELZEHRTLZE2HME LT, JE
FIETE LRI R & F V2 WU Z5HefE 2 DNN 0% 1 /g &
LTHnd 5. fiicd LIN ICBE L, sz 1T) 8%
81 RELUAMIF AT 2 FESRES N TV (18], [19]. Z
NOEDT Ta—FIEFHBED L) ITKET— 5 25H 554
IZIZ DNN 285 EIETE 525, 73— FIICHIEA#R
J& % EEICHEE T A DL, ZHUE DNN O3 F X —
DL L L, ik LBEICICL B/ T T4 v A
YA T A =T DHEDHEELE L LIKTSEE0ET
H5b.

P 22 oI 2 o & 9 ZREEICxT L TIIEETH
L5, HTELEBATHIDTH—ICRO NS 72D E T IV 2E
W OMIL & e, MR SN 2R FEICRBIT 5 2
EDTERV, FITETFIVER, 22 o ws)in T
DWW HOEF 2GRS 720, HEBOERATY % sz
WMTHWL FEZRET S, Hilid 0 #HicTh VT EMR
NI AZ) T ark, Bk L#EIETHNIET I —
FIZ & Do N7238 R 2 VT, GMM D@ s DAL
A (CMLLR) IZ&D &, HEOLBEATH 215", 2L
T, INHDEWTHIOEAFITAE & ) B—DLHI75]
P L CIFBE A AL, BETI— FL TREMN %GR
WAE RS, CORBITHE —-OLWATH 2 RH T 572
O, fMLLR &L CRHEEIRIZ LA LML 2w, &
AT OEIMREZ, Hhilid ) EILTHITER 7 A
s Ta N ITETIA AN, Bl L#ELETH
NI XA T — FIZL 5515 HMM OIRET 7
A VAV MIHETE, 7L LT LICHESNS., E5I1C
BERATHINEE DM FE & BT 5 7200, HEE R FRMERR K
1t (structual maximum a posterior : SMAP) Z:i#E% | 4%
HEZEHOEBATHOHEITEAT L. Ol I hEAF
13 CSMAPLR D5k T 1), Fft=E22H o SMAPLR
(fSMAPLR) £ & 5252 N TEDL, EBHERE,SIRE
¥ % fSMAPLR 13, fMLLR X ) % GMM, DNN A O
BEFIVTHENDL I ENGh o7z,

K T4 2 EBCTEFIVER, BEEZEMICBI L0
ROWILFFNIDWTIRN, RIC 3 B THBEOLIEATH %
V72 m M o@EIn FiEE2 IR T 5. &I 4 ET,
FEBRIC LV RFEOFREEZRT.

2. TERDBICFE

KETIL, FEROBILTIEIZOVWTIHRRS, 97, 2.1 8

LOKECTOERS, Bliis LEIEE T 5.
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& 2.2 {iTHRL 2 DOBMIBTFEILE TV ZEM O )G T
4. CMLLR (2.1 fiii) 13 FNVZEOBETHEE L TRd
ILHAWSENRTWES., ZoFEE, WERICED ZHRD
EHATH 2 HEE T S, CMLLR LG T — £ 126 L Tl
H5 LMD D 5726, SMAP H#E4 A L7 CSMAPLR
PRESNTVD (22 f). HBEOBEICTE (2.3 #Hi) &
H—DZEHATHIC X 5 CMLLR %, Hr#aE2emicH w7z
bDOTHAH. CMLLR THET 2 EBATH 2 H—I2§ 55
A, BN MV R SFE R TR T A 2L LSl &
5 Z L5, fMLLR &EMENLTW A,

2.1 #l#fERAFEFEF (CMLLR)

CMLLR Tl&, 77 A5 BIF 5 D RICOFHN 7 k
Vo, € RP ERXGEATH) B, € RP*P 2K (1), (2) 125
WCERBEOTENT MV fry, ., FHATH] 850, € RPXD
WEWT 4. §, miZFNENHMM OIRE, GMM DR
EAVT I ATHA.

ﬂjm = G')'r(j.,m)“jm + Er(j,m)> (1)
Sim = O Zjm©, ) (2)

CZTrRIEESZ FADA YTy 7 ARRT . Opijm) €
RPXD &g, ;1) € RP I3 ZNENEIATE O [FEATHY, /N
AT AN PV THD. ridj e miZ LTz —272%f
5N TBEY, ZOMIAHTIZENEARIZED < FEI
LV/oND 5. b LaARLIHAT 2, A7 (2) 12
Lo TERESNDGE, X, ZEtoitle b, LE
FIEOIRA N EFBEETVOFAZXNZE LML TLE
J. La»L, t 7L —2HOFHENRY ML o, € RP 12k
5, W j, RE m OEIGEATHI O I 2554 DI
RSO LIEEZHOTUTOL ) IZKkD N5,

Ljm(0r) = N(0t|ftjp,, Xjm) (3)
= {Ar(j,m) | N(ér(j,m),t|ujm: Ejm) (4)
TN T A5A%ERT. BlEEfTH) Aim)s INAT

NENRAD L) ITEHT 5.

A —1

AT(jvm) = ®r(j,m)’ (5)
1

br(jm) 2 —=© Gy Er(im)s (6)

R Oy
Or(jm) b = Ar(m)0t + by(jm) = Wor(jm) L] - (1)

Lzho T B) b iz (4) #HwsZ LT, adt
SEOMELE#TEX S, LaL, ZOFEE GMM O
BWETVOREERFIZHFEL TH ) ™2, DNN HFHE TV
DAATEEITHEAT A LI TE RV, B 1ICETLE

2N VKT BT 7 4 VIR W) 1, R G, R
FEFZm IR AFL T 5.
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Fig. 1 Overview of model-space adaptation methods.

B OWIETEOIE 2 RS, 0¥ A4 7o#BFEL, #
JCALEL & 7 — AL SHL AR D S o THEILESND 720,
FCEEET VAW GOMMTHAE L2 ITUE% 5 v,
F7- CMLLR 1213, @In7T — 7 PR WiGEIlmsE L
RIVEVIHEDLH 5.

2.2 EBEMNLEERSHEALVZ CMLLR (CSMAPLR)

CMLLR D38 ORI, N4 A7 70 —F % A
T5ILICLY@EITE S, CSMAPLR[10] &, ZEH4T51
DEEW £ (W, IR 2 RA D MAP HHE % v T
5.

W= arg;xvlaxP W) P (O|A\, W) (8)
TR WEWIE W, BEhENEGS T AD
B, wUHEEIC XD KD IARATHI W, DS, MAP #
FIZL Y RO7ZMIFE 7 7 A r 2B AEHATHITH L. £
72T, O={oft=1,...,T}, NiFZEhEh, 7L —21¥,
BN FLRGIE GMM OETFIVINT X — 5 DA%
RY. RFETIE, BB EFMSA PW) 2 HT 5.
7z& 21, CSMAPLR CTIEFieo & 9 ZHaisnfi P (W)
AT 5.

P(W,) o QP2 [w| (P02
1 T _
xexp{—2tr(WT—Wpa(r)) QN (W, W) ¥ 1}
(9)

ZZTpa(n)ld, B/ —Fro#/ —Foblxks 7 ADA
YFy 7 ARRT. Qe RPXD L g e RIOH)X(D+D) 135
B AT DINA IS=I8F5 X =% T b . RIFTIE, FHioA
&L THATICHR 7], [10]) LMk, Q=7Ip & O =1Ipy &
Awg, 7if, FAiomogEs2ay ha— V35 A7 —
)y 78T X —% (SMAP %) T 4. CSMAPLR @
727 F A r OLPATHI W, O ULFFHOFINT bV
ez, st g, GV ruEcss. g», ¢V
CMLLR DOZHATHI W, D 1 4TH OEREFEIZ BT et
£y, GO A LTH ) — FOEFIBEROME I L V15
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Fig. 2 Overview of feature-space adaptation methods.

BNB.
g =y + el (10)
GV =GV 47 Ipy, (11)

T wl) ) WH — FOBIBITH W) O 1THOF)
XTIV THADH., 7=00 D& ED CSMAPLR i CMLLR
E—HT A%, 2 (10), X (11) DE TN 0 & %o

TH) — FOEEN L Rb720ThH5b.

2.3 BHETPROKRLEFERE FMLLR)

2.1 HiTik~72 CMLLR 1238\ T, HEEDOZEHRATH DAL
b ICH—OERITI Z VD &, 51238 (4) OLEIL
KR CTEEBETIEHNTES.

Lim(or) = |A|N (0|t Zjm) (12)
T oRERBOBHMETH), RN TEZREINAL.
6t = AOt +b (13)

L72A%o Tl L 7245w oSl n i ic L 0 o h, &2
WRTEHICTFa— FREE 58T 22 TEL, 2O
729, fMLLR O & 9 g2 o@InFEE, 7V
INT X — & ORI EEZ: DNN OFZE 7L I2H #H T
EL2Eh5, ESHWLNRTWS, LA LEBRITHIAH
—7 720, BEOZEERSTH % V7 CMLLR & 0 & MEgEDs
$5HEV)FFTLH 5.

3. BHOEBRITIOEAMF T L 24FHE
PRI DE IS E
3.1 BHOTHTIIOE AT 1iE
X 3 ICIRETFEOWMBREZRT. ZoRIF [HE] &
FE L7z &, 58D CMLLR ZS #4775 % &5 2 e 12 3
5552 R LA, FEFFREORRIIZIZ 3L
T5720, HTEBHE BRI E 7L AT EIZED Y
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Fig. 3 Outline of the proposed method.

Th., TOEBTEEBT L7720, GMM OFZEE TV
IVESNBIRET IA v Ay M3 2HWA, X3 T,
TIAVAY e S={sft=1,..., T} DX HIZ, K&
ATy 7 ARFE LTRIAL TS, 5, 452 LT,
BT 5 GMM DEA M, #FFETAHILNTE, s &
M, DSBBDEITEZ T A {r (si,m) men,, & PITIEH
B"ohs., LchoT, TFFHE o & HEOEHATH
{W%MML%M%%ﬂmﬁﬁél&ﬁféa

2.1 HiTIRR72L 912, EFNVEHOBEETETIIEY
7 A5 ARNIIR T B H— D ZHATE 2 F v T HMM D)
MR%ZEE T A, Lo L DNN IZHEAT 21213 GMM A
DFHEZRT, EFNVZEM TR e TOMIE &
L, ZHITH % EFNVZEMDO W, H 5 EMEZ2M o W2
TS DUENH D, Lizh> T, BEFEIINSEHED
LHATH W, OEZMFTNZ & 0, H—OL475 % HEE
4. N (13) LIdELRY, B0t 7L — A HORHE
N7 MV ERATEIAT 5.

oy = ZmEMst P (Stvmv Ot) (Ar(sz.,m)ot + br(st,m))

Ot
- ZMEMSt P (St,m, Ot) WT(Smm) [ 1 ] ’ (14)

ZZTp(sy,myo) &, 7V —LHAFOERINT XA =5 T
HY, K& s, & GMM OREZEFE m O HITFIEAHT 5
n, BARWIZIE 3.3 BTt d 4. B 4 ITRFL DO
BEOLMFEO BB 2RI, IKEE s, O GMM O ZEHEDS
50DH Y AGA (N,...,N5) ol ENTn5, &
HINT A =% p BETETENE, &F 7 A5 IHIET 5
5 DDEHIFMEOBEAF IS LY, EHIFEEI S
N5, ZOMEIIFE M CEET 5720, Fgmozk
275 DNN 2B W TH GMM FFEICHEBTE 5.

BT IA YA MDD NIZT T 4 AR N-best DR %= v
HZEDLTED.

1558



E3RIBF AR TEE Vol.58 No.9 1555-1564 (Sep. 2017)

{0 (s, 1,00) + p (51,2, 07
+p(st,3,01)} W40,

Input feature O¢

4 RFEIL DIMHE ORI EDBMAH]. T TIRE s 135
BHATH Z Wa & W TEBT S, 7501 1, 2, 313 Wy &
HHL, BAi4, 513 W 2635, &0 401260T 5
BHATHINDOEHINT A =513 p(s,1,0),...,p(st,5,0¢)

Thb
Fig. 4 Concrete example of the proposed feature transfor-
mation where the component of the state s; includes
five Gaussian distributions (N,—{1,2,3,4,5}e5, € Ms,)
and W4 and W are transformation matrices. Dis-
tributions 1, 2, and 3 share W, and distributions
4 and 5 share Wpg.
p(st,1,00),...,and p(s¢, 1, 04).

Their weight parameters are

Algorithm 1 R E T 2 fH =L 7 VT X4 (The
proposed feature transformation algorithm)

Input: Acoustic feature sequence O = {o:|t =1,...,T} and
GMM acoustic model parameters A
Obtain state sequence S = {si|t = 1,...,T} at the first-pass
decoding (S = decode (O)) (using GMM)
Estimate transformation matrices W by Eq. (8)
fort=1,---,7 do
for m € M,, do

or = ZmeMst P (St, m, Ot) (Ar(st,m)ot + br(st,m))
Ot
= ZmGMst P(Smm, Ot) W’r(st,m) l: 1 ]
end for
end for
Second-pass decoding with O = {é:ft=1,...,T} (using
GMM/DNN)

3.2 BREEDBEGCOFIE

TITY AL 1L, RET S ISMAPLR O FEZ /RT.
FTGCGMM EZHWA 1 XAHDOTI—=FIZL ) $TO
HInT — % 2T, BakfEfiL a2 7% 2 MRAFOIRRE
TIAY AL S EBL. RIIK () ICEDE, HED%E
BATHIW ZHEE T 5. BRSMORELRET D720,
CSMAPLR [k SMAP 2 7 2B A$ 5. 7=0D&
&, X (10), X (11) OE—EAIERTE 51T L5E IHL L
W &bz, &/ — FOERITHIDV— b /) — F LA
Leib. LEDoT Y0 p(sy,myo) =1 L5559
LEM p(s,m,0) VG &S, B—DZRATH Al
SN, AFFEIZMLLR L5fiE 2 5. W gk, TO
T o, 3K (14) 12X 0 ¥l o, ([T 5. Wefk
120y THWVWT, GMM b L < & DNN OFEE TV L
28AHOT I — F&EATW, Wi 2575 bl R 145,
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3.3 2FBEDEA/INTA—ZIZDWT

3.1 JiTlE, BIMBORFHENRT MV oy DERIZ, Eh
fFFIXT XA =% p(si,m,0;) ZHEZ & ZakR7z, K
T, 2HEOEANT XA =7 2fli) 2L 2 RET 5.

FT1OHDEALINT A—F p(si,m,0,) & LT, GMM
DREEFE m T 2 FEMEE v,, 0 (0r) EHV D, IREE
5: X7 TA VALY R PLBLENTVELD, 74 m(0;) &
KAWL EHESNS.

wst,mN (ot|“st,m7 Z:Stv’m)
Zm’GMst wstﬂnlN (Ot|p'5mm/’ Est,m’)
(15)

Vs¢,m (Ot) -

ZIT, REEOTHNRT MV op, 0 L3RG AT
Soom THWDM LA L GMM ORAIIBNT, 54
EORAEROLEN LMY, FRIEEIIFFICA
=AWl eHDb. ThHE, X (15) IZBVWTH—D
BERATHORE N D Z & LIZIFEME 20, X (14) TH
MOBWATHNYERE L 2R S &5 H L SRk,

2OHDEANT A—F L LT, GMM DRGEAEH
Wb, ZOTTA=FEEDLDIE, vem(0) BAIS— A
Lo TLE) L EMITE-DTHS. GMM DRAE
HEHCDZ L, K (15) KBV TN (odtg, my Bsiim)
DEEEH L, TROELEIT) I EIZHF L.

P (Sta m, Ot) =7 (St7m7 ot)
w (s¢,m)
= =w (s, m) (16)
Zm’GMSt w(8t7m/)

CITs B7 V=L tIRETH720, w(s,m)E7L—
LT EWHE LD, £7om b s (meMg,) IIRIET 5.
X (16) 135 (15) Z W26 L0 b o ITHKAFL 2V
T, HELOFEZZITIZ .

X 5, B 625 20 THIOMEMZ & 51, £he
NHEBZIESR, GMM OREGERZEALNTA—F pL LT
AW L EBEDT L — LT L DEADZALZ RS, i
W7 V=L, it 5 TR S NS BREBATININ§ B HE
AERLTEY, ML EQICEADE ) ZLT L 0ER
. M5 IRTERMERIIANR—ATH L7720, KL
BOTHEOERTH O EANIFEIZHENTH S Z L
A, —HFTH 6 IZRT GMM OREEMAIL, FHhE
RO LI ZANR=ATHEWTZD, BEOERITHIDOEHLD
ANHIFE L N D h 5.

K (15) F A4 (14) IR BE 2SR O TEICIER 12
BTV [20], [21], [22]. LA LI 5O THIE GMM Ok
FHOMHMATENELTHBY, GMM, DNN OB TOFE
ZeOMIGICENT 2R A DT T O —F LIE R 5.
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1N o o
EN o ©

weight parameter p

°
o

0

0 50 100 150 200 250 300 350 400
W, W, W, B Cw, —w,
5 HEMEER G (15) ZEANST A= p(s,m,0;) & LTH
WBED 7 L — L T EDEAL
Fig. 5 The transitions of weight paramters p (s¢, m, o) frame

by frame. Posteriors (Eq. (15)) are used as weight pa-

rameters.

0.8

o
[}

weight parameter p
o
~

o
o

0 0 50 100 150 200 250 300 350 400

W, =W, =W, frame W, W
6 GMM OfGEA (X (16) 2EA/NTA—F p & LTHW
7207 L — AT DAL
Fig. 6 The transitions of weight paramters p (s¢, m, o) frame
by frame. GMM mixture weights (Eq. (16)) are used as

weight parameters.

4. HF2E CHIME F+ L > JIC L 2 5F35H
xER

4.1 EBREMH

B T A ik D ¥ A7 Td b4 2 0] CHIME F ¥ L
>V 23] @ Track 2 IR (“isolated”) &7 IZxf LT
REFHEOEMEE RTFEEEL 4T > 72, Track 2 (THEE
FHAXDY AT, BREPOEFERE T CIERSINT
BY, v =AM —=F - TX—F VDT —F X~
AMHEENRE LN TS, FEB LI H W28
=2, ERETCIG LB Y, BE IRl
HE L [ UEE TRk L 7258 B 7 1 L B e
(signal-to-noise ratio : SNR) —6, —3, 0, 3, 6, 9dB T

FELIER L., 87—ty b (sitrs) 13 83 #6%
OFF 7,138 FEaG (15 [Kef]]) 2oRk s s, FHET I
(GMM & DNN) (I sitrs & JWC#E L7z, Mg, 12
W OFF 330 FEag (0.67 [KER/SNR] x 6 [SNR]) 25 7% %
AHili7T— % v b (siet_05) (Nov'92) &, 10 &hi& DFEF 409
5555 (0.77 [P /SNR] x 6 [SNR)) 75 % 5% 7 — 4 € v

b (siidt-05) O %HVCEHili§ 5. KaHiliah & O 2%
a5 &, BT BLUFMET—% & LT
M35, BEREINESFEIFEEHENZLOTHY, 2Lz
IMEEE DOREEC, RENEDT, TEIEUT L. b
DEEEEEF L, BMEOEELKKT L7012, F
R AIZ D KNS F ) < A7 [24] & AP L 7-.
SEETNVIENTIA 7T LT, H A4 X 5k (basic) TH
. SEEAREBATIE R ED8T A=513, Bty
(si_dt.05) CHEERY = (word-error rate . WER) 2%
Bl E b X )KL,

EETIZ 2 MEOETERBELTHVA. 1 DHORM
L, BMEEHE AV MFCC Th 5. 0-12 RO
MFCC 123 LT 5 9 7L — 2 %fE& L, Elanh:
117 RIC O % M B 54 (linear discriminant
analysis | LDA) [25] 12X 1) 40 RICICIEMT 570, 2512
RICHE DM Z RS 5 720, LDA 12X 0 ZH L 72458
®=IIA L, STC (semi-tied covariance) [26] 1751 % 3@ H L
72. LDA & STCIZ & 0 f¥fm 2 4 L 714, 358 @IS
BHRINICLYFEETVEFE L, 2 0HOHEMEL L
TRICHEMHBEZ IR L 727 1 V78> 7 e % Hv 72,
0-22 ROFM T ANV NV THHEEZD A BIUAA
MNH%h 69 RILONT MVEMA L., 727271405
IN T FEB R ROCHE O A B 2558k <, kA 3k GMM
TIRARTHMEEZBERCERIATE 2V 28], 20720
TANENY 2 HZF0F RV IMLLR Tl A a8k
REACETE T, @AM RICHAHRE 2 KR L Th L%
DB [29]. L72H o TEICLHLTIE STC 175 H % k7T
AR D720 7 4 Wy Ny 7 EHEICHEBLTE X,
73— FILEECIX fMLLR & L < & fSMAPLR |2 & %)
HORBEC STC OATH) H— % SCik [28] & ARk IC5#
M35,

FEE TV OFE T [24) MR, Kaldi v — V¥ v
N[30] ZfEH L7, bFA4 74D GMM FEET IV
IRAEEL 2,500 TH VY, H7 A5H O#EI 15,000 TH 5.
DNN H#E 7)1 3 2OFENE, 500,000 HD /85 A —
ZEFDO, DNNO /B ALY ba ¥ —58 12807 500
T—=rZL—1F0.02THY, FEETHEIZIE0.004 12
WALz, 32Ny FH A X3 128 TH D, FEETTLD
R E 73— FiZid Kaldi v —)V¥% v b [30] 2 v, 52
T TIVIEICHR [24] & FROFNTEE L7z,

1 — o I

*5 EEEE A I21E “isolated” & “embedded” @ 2 FEEANH 5.
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*6 LDA (ZIEENEE R I LT,
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®1 CHIME Fv L > b7y 7 205ty b (sidt05) TO
WER [%]. Figfes (X (15)) LiRA®EA (X (16) 13X
(14) DERBHEDZRZRO WER 4R LTV 5
Table 1 WER [%] on the development set of the Track 2 of the
second CHIME Challenge when a posterior (Eq. (15))
or a mixture weight (Eq. (16)) is used for the weight
p in Eq. (14).

the number SMAP scale 7

of W weight p oo 1072 1073
5 posterior 39.7  39.6 39.3
mixture weight | 39.5 39.5 39.2

10 posterior 40.8 40.5 39.8

mixture weight | 40.4 40.2 39.7

4.2 ETHRITINCHT 2B EEAR/IST X —4&

RET R L BT 2R712, 3.3 BiCak~7- 2 fiH
DELZISNT A= FIZOVTHETT 5. R 1 IERTHIEDS
5, 10 D& &0, FEMER (X (15) & GMM OEAEH
(X (16)) »ZzNZOTH WER %2/RT. fSMAPLR O
INAIS=INF A =% T D SMAP 25 7 13 007, 1072,
1073 & L7z, TNOOFERDPS 33 HiTh~NzL)g, F
BRI KREBTAN—ATHEHPODZ, 7L—1TE
DEADBEBEPZWEE 72 5720, RETEAD I IFHERMER
EVEBENDZEDGh ol LBREAERTIIRE 713
Do CRECRER T 5. KT 5 FSMAPLR (I3 A
Dk, #RORED o728 (16) 2 WL Z L EF 5.

4.3 GMM BEETFILIZH T 551

X 7 12B% -ty b (siidt.05) TO% SNR 2B %
¥JWER #/R"3. 287 % fSMAPLR &, X (8) 2L {5
SN e T, BEEHELZ 7L -4 T LI
X (14) 1ICEDEEWT 5. SMAP ¥ T 1L o0, 1, 1071,
1072, 1073 & L7z, $RFEIIERATHIEDS 3, 5 DHAIC
BWT, §XTCO 7 TMLLR & YRz, 2R CTLEHR
T % 10 X ) K& T 5 LI HILT 2725, 2
BWATHIS T — 5 mOL vt/ — P23 LGRS T 5
7eOTHAH, —HrERELTHILITLY, BHITHIO

BN e b ) @R EH I ENTETVAE, ZOZL
76 R % MAP #EE DA Z PO LNz, Thb

DFERE D 212, BWATHEE 1 2 FENRER S5, 1073 I2fF
ETAh.

KICBHZSE v b (siidt_05) B L UGt v » (siet_05) T
PERE 2 Rl 5. #EOLEATE Z 72 CSMAPLR [10]
22w Td i L, CSMAPLR O Z #4751 ¥ & 7 1%
fSMAPLR & Mgk & L7z, $#E LD ISMAPLR %, X—
254 (GEI7% L), IMLLR, CSMAPLR & Hi#gL 7.
T2 IESTTEFIIBITA4SNR O WER %, 7278
WER # “avg.” & LCRY. $7220—rEFFICxd 5
*T 204, CMLLR OZHATH & Vb 2 & & 5.
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Number of transformation matrices
fMLLR X fSMAPLRt=10° -&= fSMAPLR t=107- o
fSMAPLR 1=co0 - % fSMAPLR t=10"-m fSMAPLR 1=107- e-

7 BFEE Y b (siidt_05) IR (“isolated”) A IS 5 GMM
FHETNE V7Y WER [%]. SMAP 7%+ & 2647

I D8T A= 512345 5 WER OB
Fig. 7 Average WER [%] for isolated speech (si-dt_05) with the
GMM acoustic model. Parametric study of the SMAP

scale 7 and the number of transformation matrices.

F 2 7 (“solated”) HFOFEEL v b (sidt_05) B L UFFAfi
v I (sieet_05) ® SNR Z & ® WER[%]. GMM #%# %€
T w7z
Table 2 WER [%] for isolated speech (si-{dt,et}-05) with
GMM acoustic model in terms of SNR.

Noisy Clean
SNR [dB]
Method | —6 -3 0 3 6 9 | avg.
dt|w/o adapt.| 67.3 57.6 49.5 43.7 36.9 32.1|47.9|12.3

fMLLR |61.4 50.2 41.3 34.6 29.1 24.8|40.2| 8.9
fSMAPLR |61.1 49.0* 40.7 33.2* 28.0* 23.5%|39.2*| 8.5*
CSMAPLR| 61.1 50.1 41.0 33.2 27.9 23.9|39.5| 8.6
et|w/o adapt.| 62.7 54.7 48.0 40.6 35.4 31.8 |45.5]|13.2

fMLLR |54.3 45.7 36.9 285 23.6 20.1|34.8| 8.0
fSMAPLR [52.9* 44.7* 35.2* 27.3* 22.5* 18.7%|33.6*| 6.7*
CSMAPLR| 52.7 43.7 35.5 274 225 19.1|33.5| 6.9
* significant at the 5% level.

WER % “Clean” & L T/RT.

INLDMERPOBICVPHEMNTH L Z L, TARELD
fSMAPLR OPEREDY IMLLR 1% L§-_TC? SNR T _L[n]
h, Ffiit o N O WER T 1.2% (HikHii) B,
LD WERIZHEDC tREICL D, 5S%KETHETH S
Z & mREFE L7, fSMAPLR 13 CSMAPLR & FFEEE O
RECHDL LD nh, 2O enrbETIVER, FiE
ZE DRI B THEBOLERATH 2T 5 2 L DHR)
PEDSTED O B LT,

FoB%E Y FORRICERT 5 L, IMLLR & TR
REOWEEITRKE VDI, FICHBAE SNR B TH -
7205, ZHUELSAHDTFI— FRERETIAL VAV bD
HEERENEKSNRIFL ) BWAoThriEXLND.
EHIZ7 ) = rHFFIIBWTD 04% GoxHlE) #Eh-2 &
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F 4 7 (“isolated”) HAEDFH L b (siidt-05) B X VRl
v b (siiet05) ® SNR Z& D WER [%]. 74 VFNy s
T EEREE S L, DNN #8727t

Table 4 WER [%] for isolated speech (si_{dt,et}_05) with DNN

acoustic model using fbank features in terms of SNR.

38.0
K
375 Y
—37.0 y
Q\o }l//
o 36.5 e
L%J 36.0 a 0
o R
335.5 -
[ /.
Z 35.0 e .
3451, B e @
8 .-
34.0 ®-- L]
0 2 i 56
Number of transformation matrices
fMLLR X fSMAPLR t=10° - &+ fSMAPLR 1=10"-o-

fSMAPLR t=co -x fSMAPLR t==10"-m fSMAPLR t=107- e-

8 PBAZEL v b (sidt_05) DI (“isolated”)
HFEE TN F 725 WER [%)
Fig. 8 Average WER [%)] for isolated speech (si-dt-05) with the
DNN acoustic model.

12383 % DNN

& 3 L7 (“isolated”) HFDFE L v b (si-dt-05) B & UEFAi
v b (siiet_05) ® SNR Z&® WER [%]. MFCC % 5%k
Fefgar & L, DNN FHETN 2 A7

Table 3 WER [%] for isolated speech (si_{dt,et}_05) with DNN

acoustic model using MFCC features in terms of SNR.

Noisy Clean
SNR [dB]
Method -6 -3 0 3 6 9 avg.
dt|w/o adapt.| 55.7 44.6 36.4 30.6 25.9 225|359 | 84
fMLLR | 53.5 42.8 34.0 28.7 24.8 19.9 | 34.0| 7.7
fSMAPLR |52.7* 43.0 33.5 28.3* 24.3* 19.4|33.6*| 7.7
et|w/o adapt.| 47.9 38.7 32.4 24.7 21.4 19.5|30.8| 6.7
fMLLR |45.2 35.7 29.1 21.5 18.2 16.6 | 27.7 | 5.5
fSMAPLR| 45.3 35.1 28.5 21.4 18.1 16.2*|27.4*| 5.4

Noisy Clean
SNR [dB]

Method | -6 -3 0 3 6 9

avg.

dt

w/o adapt.
fMLLR
fSMAPLR

61.5 51.4 429 364 325
55.0 43.1 35.3 27.9 24.6
54.7 43.1 35.0 27.3* 23.7*

28.1
20.7
20.2

42.1
34.4
34.0*

10.5
7.3
7.2

et

w/o adapt.

56.3 47.0 39.3 32.7 29.3

fMLLR

47.0 37.4 29.5 22.0

18.4

26.1
15.4

38.5
28.3

10.4
5.4

fSMAPLR (46.6 36.4 29.2 21.6 17.2* 15.0*|27.6*| 5.2

* significant at the 5% level.

o, MEEOAMEIBEETRETICRESNL DT
I Ebayhol.

4.4 DNN BEEFIVICH T 558
4.4.1 MFCC ##E

AIHTIE, DNN OFEE 7 VI 52479 . B 8
12, BEZEtE v b (siidt.05) TD% SNR IZBIT 5 F# WER
AT, BBHOEKREE, M7 LAETHL. 5D
KRS, BEATHEL 3 ¥4, fSMAPLR 2 fMLLR
I0END Lol BRTIIRE S IR LBE
% &, fSMAPLR O1EElX GMM TOA L [alkk, VEEEDS

FAL L7z, RFHmREE R b &1, BRAThEE 1 2 FNE
3, 1073 &9 5.

JICBEE Y N EEFEit v N (siet 05) THREED
fSMAPLR %, N—AJ 4 >~ (#EIE% L), IMLLR & M
L, ®3IKEEE/RT. 22 TCSMAPLR 1% 2.1, 2.2
TuliR72X 912, DNN CIREBHTE LW L IER I
W, F2LHETAE, DNNIZGMM L ) §XRTHF7 —
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* significant at the 5% level.

A BV THRED BN,

WRLD, DNNIZBWTOBELAERTH S 2 & 235
Mo7z. fMLLR & W5 L, % T 5 ISMAPLR O1#E
34 SNR IZBWT EEY, FFHifit vy b O SNR IZHB W
T WER #°0.7% (fixE) @i, 7)) —rEFRICBWTH
0.2% (KExME) BNDZ EH9holz. kI L ® WER
WCHEDCEREICLY, SAKETHETH S I L 2R
L7z, TNFETOERER2S, IET 5 fSMAPLR I,
fMLLR £ ) & GMM/DNN O ) OFEE 7B W T
TEREAMENT-.

4.4.2 T4 IBINL THEEE

Bt v b (sidt_05) &&EFit v b (siet_05) THZE
%0 fSMAPLR %, N—2 51~ (#it7% L), fMLLR &
HBL, |AIZT A NI N 7= 72 FY WER
R, WIS LoMREIX, MFCC # HHW2a X0 b
KIFICEE LT\ b, F7owin LoBEME I LT, %
REDUERIT/NE Vb DD, $-EPL MLLR & L T
it vk OFH WER T 0.3%0#E (HEEHY), 7
)= EFTO01% (Fixdil) odusEsH s,

INETOERICEY, %7 5 SMAPLR (£ TMLLR
XV ENR, MFCC MR L 7 1 V¥ N 7 RO )T
ERhTH B EDDh o,

5. bV

R LTIE, BEURAIZED CHEBEDOEBEATH % v
BHMEZMOMEEEEZREL, SOICERTHOMEY
2B oSN e MAP #EE 2B A L7z, B SE)
SRR D SMAPLR X, GMM (2B T fMLLR X 1) ##
N, EFIVZEMO CSMAPLR & FAEE OPERE % R L7z,
B, BEFCLYVERLBEMERY MV E, ko
CSMAPLR T3 2 % %> 72 DNN O EF2E 7))V IZ AT
L, fMLLR O1EE% Lol & & 2R L7z, 4%
LT, MYBEAINT A =5 OEH, FTHOHEE IZ
BT 5 VBLR[8], [13] ®EA, FRFEICLVESND
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