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1. ELC®IC

FLETHI ST A MYy 7 E R G E EB T 5 REH ST
FEE LT, lEn<iLa7E 7))V (Hidden Markov Model;
HMM) (23D K Bl AaD T S b [1]. HMM 1230 <
HEAREAVWS I THhLRESMEREFRDANEE
BTEIN, RERIEILIVTFFA NI FTRARY VST
WEDFEHEFT—XDBREINTLED &%, Hhnfie
U CHAR A Y ARARERMTH O EToND L 0o
P EAET 5. EETIE, ZokSRMECLT
Za—=INWAxYv bT—=2EHWS I ERBREINTED,
BlZIE, HMM H8EF L =a—F )3y b7 =2 %
AEbESFIE 2] ®, HMM HEE TV O ALK E
Za—Ixy N —JIZESHZ D TFIE (3], [4], [5] HiE
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L3N, —a—FN3xy NI —JIZH IS FHEERY AT
LFEWEREE RO Z e I N T WS,

MM s X Yy 2 EFERY AT LIL,
STRAIGHT[6] X WORLDI7], [8] ¥ &M E AR — X% H
WHERXI N Z e DZ W, I Ra—X &R LUSER
BEOME, RO, HEREE?S S HIKEOER?TH
N5, HAHATA M) v 7 EFRERTIE, TEETILVE
AWT £ 2 F 9o FERMEO P27\, Ka—X%H
WTHEREBFEOERZITS. JBE, DNN 2HWsZ 2T
MEH ST A N v ZEFREHRY AT LAOMRIXEET 1
TW2H, DNNIZHEDKHEHART AN v 7 ERARK
VATFLIIBWTH, RI—XE2HWBR I TEEDHLL
PEUTUESMEDNDH B, Z ORIEIZH L ThE % 2258
RHEINTE L, XX, HREE T ILVOHRE 9], [10],
Sinusoidal A3 — X OFIAH [11], ERARZ MLDET IV
ft[12], HEFREEZOELEDODORMA [13] BEFS5Nh 5. Lh
U, MR IANYy 7 FFRERY AT LBNT, &K
I—REAWZZ 222 HELERET S Z 2 ITMKA
LLUCHETH .
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ERAWTCHESNZHEEEZ2 S ORIEANS ML (BT,
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1 A framework for the DNN-based acoustic model.

Test analysis

inguistic feature
extraction

Prilaz f2% U7 [14]. [14) Tl, FFT A2 hLE¥H
T—XEUTHMAULZD, DNN &I HEZEE T (B
i, DNN HFEEFILLIER) A —bTra—KI2&b,
H B RSE DEL Y Bz AR 2 M LD Pl 4T 0
7, WORLD Ra—&Z2HVWEMEREEDESHI AT
HBILrERUZ., T OHBIZHEGEDED R
RI—KIZFHTHE R ART MVEKR P S N2 2k
FEEICHIEZE N, ULAL—/T, FAEEEZED FFT A
RZMVETFUTEZ 2k, fitifET, WEERR 7 —
D TAWUZHE D S EEWBAER [15) L\Wolz, Ka—X%
FAWARWEHERBAER T VT XLAOF I aREE 725 2
ES, WG RFFD FFT A2 bV OE T IV LE IE

VZBLIGREN.

Z ZTARIIZE T, MEHISXT A MY v ZEEAICE
WTC, FFT A7 hLh 6 @ Griffin/Lim #5412 & 2 A HHE
JC, WEERERT 7 — ) DB D G AR A R R MRS
5. FFT AT MVIZED K BEY AT LA OEFEICITAD
%< eH, 1) FFT AT VO EED THl, 2) @y)
IRAIMTEIC R VRE L § B EREE 7L FFT AR MLD A
MHEL 5. RFETI, HEEEE2 50 FFT AXY
NV O EREE R R EFT D 728, 1) DNN H2E 7LD A
11 (SEER R ICINA FO (2B 2 R o R ), 2) DNN
BFEE T I OFEHEE (Kullback-Leibler divergence @ ]
M), 3) DNN H#E TV b FHIT N7z FFT A~<2 h
VDY — 75 (RIS KA N7 2 VX OFIH)
OMET 2175, FEBRTIE, FFT ARZ MWZES L HRFE
A ESHER I — & WORLD (&0 ARG HE D%
iTo7=.

2. DNNICED<KEEETI

2.1 HE

Wk, HMM 2EZEFLE LTEL AV ST
50, A, DNN IZEDK HFEET AR REI L TY
% (2], [3], [4], [16]. At Z > a v TIEAEMNZR DNN F#
EFILD1DTH5 B2V THEICLYa—L, FFT
AT MVETIALD 72D DNN F8E 7 )L O F 3 HHE
IZDWTIRARB.
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112 DNN S22 70V OA%ZRT. AFiEIZ HMM
FEARICBI2IVTFFANZIAR) VIV LN
LREARE FARO%E %2 FS, DNNZ2HWAZ L TTF
A Mo I NSRRI EE L S I N AZEE R
TA—RIZEHIND. AT —XTH DS ERHEBITIIN
1FVF—=x (HlRE, 3vTFFAMIETIEMDER)
CEUET — & (B2IE, 7L —ANOHFEDE, HEND Y
T TNONE, HERMEE) ZHWSZ N TES. DNN
BEETNVOHEDO—2L LT, HlZIEi-vector (2 & 55
FHHH [17] LV o 2 SREREEMNOREEEZ AL LT
BHHHTE RSB FoNS. 3] T, HH/ T A—

ZERHEE, AR MRS SREE L 2N S DORHE
WMAanHWSNT WS, KiFETIE, FHARFFTIZLD
Bo N EIRTIRIBA NS ML % SERHE L UTHD.
DNN X FE T — X »r o i I - SEREM e W6 T 55
AR E VT, RN TEICLDEET e
TE5(18). £/, FETFAMDOEFR NI A—RIIFY
INZDNN2S 74— RNTaxXr—yavizfngZ
ETYHTE S,

2.2 ZEE%E

FEANFEABRDZHD DNN FEE T I OMETI
FHHEME L U CTHR/N_IEEE (SE) PHVWLNDE Z L%
W, BRUNTEREEGEICE O EYEEMEL, T LS ITRE
na.

Asg = arg min Esg

T D
*argmlnizzihd*ytd ; (1)

t=1 d=1

—_

2T, ya =g W) & ona, Ui, £, d, A EENZ B
(FERHE), DNN S22 T7)L0 AN (SiEHE), 7
V=LA YTy I A, koG, DNN DEFINTA—X%
K. 7, B gD () 1X DNN 2 & » TRBLE h 5 Ik
WA TH 5.

(3] THIW S 37z B B L B 0, ARSI OT
FFT ARZ FVEEETFT -2 LTHWS. AFETIE
FFT ARZ MV EEBEEET -2 & L THWA RS ZIED
U, #Y72EEE T I OMEE24TS 728, Kullback-Leibler
divergence (KLD) (23D < 3l fE#E % iy, DNN #E €
TINDOFEEFTS. KLD ¥ IXIEAMEITHIN T4 iz 5
DL HFFFHZBWTAS AT NT NS [19], [20]. AW
TRz KLD ([ &D < FEEHEMER DITITRT.

AKL = argmgnEKL

T D

—argmanZotdlog——Otd+ytd (2)

t=1 d=1

22T, Yra= detd‘i‘bd“c?)@, sq & bg 13% Br—X
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Speaker Professional female
#Utterance (Train) 12,085
#Sentence (Test) 200
Sampling rate 48kHz

MOETE - TRHEI N, EHLI N7zl % 5112 R 3 A0EIC
FAWBETH S, KLD IZHOK FEE MR EHT 5720
CIXBIM L g0 FIEOBTH 20BN H D, AWIZETIE,
HAOEZY 71 REEERAWERLEINZ 025 1 O
DIEEHTIT B Z LT, Gpg PEUD 152 fEOEPH DO HIR %
TV, KLD IZHE DK ZHEHEELZFHHT 5.

E7z, LROM Y REIND y, 4 (BT DI & W,
TR A LR Tk [18] 12X D DNN D/8F A — X IFF)R K
{EBTES.

ayt,d = Yt,d — Otd (3)
oF

KL _ g, (1 - ) : (4)
OYt,a 54Yt,d + ba

3. NIHEETICED EFERK

AKrryarTld, BEVATFLATHWONS FHIEY
BTN T ZLIZDWTIHRR S, A% TIE, DNN &£
ETND S HEEZ A IRIBAXZ MUATFHIEI NG &
REL, FFT A7 MLir s OfETT, WiERE 7 —Y
T, BXUEMEE (OLA) (23D FHmd k% 1
W3, FFT A2 bLh 6 ORME L & U T Griffin/Lim
HIT X B AMHETT [15]) # WS, ZOMMHAETRT7IVITY X
L, 1) WG T — U D&, EINRERIC X B A
B, 2) BHNTUBE, R T —) A K2R b
VAT OREDELUBLZE DL, 27TV XL TR
IEARZ MVOMEITEHR X NTEE X NED, MHERX
0O U KGR 7 — ) T8 A T - 2BIZE S B U
MBHIZ L D EFRETS.

REVATLATIE, UATORIEIZ X FHENBERE

175.

(1) DNN S#E 72 LD FFT AX27 ML & FHlT 5.

(2) Griffin/Lim ¥&(2 & BT ZIT 5. AT, fiL
FOWIIIMEIZIE T > X Ll Z W=,

(3) BEEETMIZL D PHIE N/ FFT A7 MV &I
SN E IV, WA 7 — ) T2, B &
CHEIMMAIEIC LD EFEBERAERZTD.

4. £

4.1 EBREH

Blizzard Challenge 2011 {23\ TEAR X 17249 17 KRR

DHFET — R &2 FEERIZFHNZ [21], [22]. R1IZT—XR—

A DM 2R,
FERTIE, 5 HEOEEE T IV (WORLD-SE, FFT-SE,
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FFT sectral amplitude

259 dims.

5 hidden layers
(1024 units)

5 hidden layers
(1024 units)

396 dims. 398 dims.

[Linguistic Features ]
WORLD-SE

‘ Linguistic Features HIfO Hv/uv‘

FFT+FO

2 Configurations of neural networks used for acoustic mod-
els. FFT-SE, FFT-KLD, FFT-SE+F0, FFT-KLD+F0
use right side configuration (FFT+FO0), though log FO
and voiced /unvoiced values were not used for constructing
FFT-SE and FFT-KLD.

FFT-KLD, FFT-SE+F0, FFT-KLD+F0) O#5% 17 -
7z, R22IZINSHFEETFIVIBEIZH W AN RSE, B
R, YEAEERT. FFT A2 bLD726HD DNN
TEE FIOUREETIL, EYHEAES T T K ATRBEIZ DV
T %1T->TEY, FFT-SE+F0 & FFT-KLD+F0 Tl
FO 1% (log FO, A/ /A NRTA—2) 2 HFZEETILDOA
FE UTHWTWS. WORLD-SE Of#%i21%, WORLD
ARYT NNVAKPSHH U ALT TA NS L% H W,
ZTOMOFEEE T IVHEFIZIE, BIRIT FFT ARZ MV
HRFHE Y UCTHWZYS, EYEMEY U T o RiiEIzHD
KFEPEELZH N -FEET )V (FFT-SE, FFT-SE+F0)
Tl log A7 =)D FFT A2 h)L, KLD (&< %4
REH#EZHWZEEE 5V (FFT-KLD, FFT-KLD+F0) T
1% linear 27—V D FFT A2 M V& FNENEBIZH
Wiz, FEEASK L LT, WOLRD-SE Tl WORLD &
I—=X%H, TOMOD Y AT LTI, Griffin/Lim 12 &
HAMETCICHE DS FERIBER T VT ) XL %AW,
FFT £ 4096 T FFT A2 k)L, WORLD A% kL
%1572, WORLD-SE f5(Z i\ - R E 13 259 (Rt TH
D, 59K WORLD A L7 7 AN T L, SR ERE,
25 YGERMR D L T 6D A, A%, RO, 1IRTTAR /K
HENRIA—=RTHD. FEEIVFFALTNVIIFHEEHE
Combilex % W THERE 7z [23]. DNN H#E 7LD A
J1E UTHWL NS SEEREEIZ 396 R Th b, £z,
SRERBICE EN S FEMKEIX HMM 2 AW THEL
7. DNN FEEF VO AN L LTHWS NS SFERME,
FO 1G4 0 478k 1 I2 E#UE 217> 72. WORLD-SE,
FFT-SE, FFT-SE+F0 THW 515 2R5#E 13 0.0-1.0
DHFFHANEH 21T > 72, FFT-KLD, FFT-KLD+F0 ®
ZEIZHWD FFT AR M2 D W TR IERAL LI 134T
DIV, K (2), (4) DED 0.0-1.0 DEIFANDIERL%E
TWCRTMEIEHAWS NS, K2 IZERTHW - FEET I
Dxy N7 —IfEEERT. 2TOD DNN OLTORNE,
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% 2 Inputs, output references and objective criteria for training each acoustic model

are listed in this table. Here, v/uv and bap represent voiced/unvoiced values and

band aperiodicity measures, respectively.

Model name Input

Output reference

Objective criterion

Waveform generation

WORLD-SE linguistic features

mel-cep. log FO, v/uv, bap

square error

vocoder

FFT-SE linguistic features log FFT spectral amplitude square error phase reconstruction + iFFT
FFT-KLD linguistic features FFT spectral amplitude KL-divergence phase reconstruction + iFFT
FFT-SE+FO0 linguistic features, log FO, v/uv | log FFT spectral amplitude square error phase reconstruction + iFFT
FFT-KLD+F0 | linguistic features, log FO, v/uv FFT spectral amplitude KL-divergence phase reconstruction + iFFT

WhEDa=y Ty 7 e~ NEEE MW,

WORLD-SE, FFT-SE+F0, FFT-KLD+FO0 (2% L T/§
BRI T T AN T LDIZHDRA T 4 )V X [24]
ZEA L. WORLD-SE Ti¥, Tl T A b
FTLIHUTHRAN 74 VR EHEA L. FFT-SE+F0 &
FFT-KLD+F0 Ti%, 1) DNN ##E7 Ik b Flllah
72 2049 YR FET A2 L% 2049 IRT T A N T LT EH#,
2) 2049 K7 TA RN T LK UTHEA N7 4 VR &, 3)
RANTANVEAPEHA XN TA NS L% 2049 IR
ARG MVIZEWL, TTANTLDEZODRARNT 1)L
REWEHL 7.

FFT-SE4+F0 & FFT-KLD+F0 OFF 21387 — X »
Lo SEREE, 65/ EHE NI A—-X&, log FO,
FFT A2 b V&AW, FFT-SE+F0 ¥ FFT-KLD+F0
EHWEEEOEKRRIZIE, TEFA N2 EONSERN
& WORLD-SE % W& 517z log FO, A /3
TA=RE ASIE UTHAHLT.

FEFHGSERIZ X MUSHRA =2 Y, HRAETHEZEN
TyH—E UTHMALE. HBRERILI ATHD. SR
FIIPRE Z L IZT A PN S TV X EE N2 20 X
a7z,

4.2 ERER
AR NOTZ AL

M3 IZBEYATLIBVWTERINIZART b s T L
D—#ErRT. K3 &0, HRIIZFOMEHRE AL LT
AWz %% 7))V (FFT-SE+F0, FFT-KLD+FO0) &, 1t
DEEET N IR L THEMED FRIATATVWS Z L
hird. 7z, ANZFOEREZFMHALTWRWY AT
2 (FFT-SE, FFT-KLD, WORLD-SE) Of&5$ % g3 %
&, FFT-SE & FFT-KLD I& WORLD-SE & Mg U T
ARG D — R PRI TWED, FORANELT
FIF U2 AT L R U TR 3R .

Rz, FPEEROBENIEHT S &, “RAEHEL H
WX 7258 E 5 )L (FFT-SE, FFT-SE4F0) & Hig
U, KLD E#% fWHE S Nz 5% € 7))V (FFT-KLD,
FFT-KLD+F0) TliEigiED v — 272 &k 0 @fi & niz
AT MVOTFRID T TWS. £/, FFT-SE4+F0 T
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2 FHEIT E TV 3.0kHz 2 5 4.0kHz A 38 D FH i
W&, FFT-KLD+F0 CTlEFHlEhTWwb. ZoZen
5, KLD H¥Z L 358 FILFEEN, AEE2 850
FFT AXZ bLVDEFIMLIZER TH B oh 5.

BRIz, M3L0FRA NI VR EMATEZ T, #
FERSEDE— ZBFANTHLNT VWA Z Ehbhb. Ths

DFEHED S, DNN HFEEFILADANE LTO FOHEHRD
FIF, KLD ##iz k2 58T VY, FE0LHEIICED
SERAMTZ 4 VZORHED, HikiEEEZ &0 FFT A7
NVOEBIZAENTHZ Z L hbhrb.
FETMRRER

B 412 EBFEM RS R 2R, BT v —OFRER
B SBRWT WS, EBFHE SR TIX 32kHz 12X Y >~
Yo7V v UEEREAWEEE TV (FFT-KLD+F0
(PF, 32kHz)) 2 #i 7z IZHHE L7z, TEET VOMES
%, HAEIEAER DO FIEIX FFT-KLD+FO(PF) & R T
HBN, FFT Kl 2048 & U7z. 32kHz & 48kHz O HHR
HHEOMEIIFAETHIEEAONDD, 32kHz & F
% Z & TKRIEIZ FFT A7 bV ORTCE D HIRAFT
11, DNN B2 T7)VOEENEGITRD Z etz n
%. TR E Tl WORLD-SE, WORLD-SE (PF),
FFT-SE+F0, FFT-KLD+F0, FFT-KLD+F0 (PF), FFT-
KLD+F0 (PF, 32kHz) (2 &5 6 FED Y AT L% -,
FT, RKAM 74 VX EZ@EALTOWRWY AT LH
THigE%Ei75 &, K4 k0 KLD ##%2 AWy AT A
(FFT-KLD+F0) 2’ e ¥ L2 W2 AT L (FFT-
SE+F0) LV FHiliB B WZ &Abh s, 20O Z &1 KLD
FHHEDRFFT ARY MV D720 DEFEE T VEEICAMTH
5Z2%RLTVA. UL, KAN T4 VROMHZFT >
TWRWFFT ARZ MUZED K VAT L (FFT-SE4FO,
FFT-KLD+F0) O#El%, WORLD Ra—&Xizfko< &
AT I (WORLD-SE) & W RWFER & 725 72

RIZ, FFT ARZ MVIZEDLK VAT LIZBWT, KA
N7 4NV RDEHDOAEEIZOWTRHR 2T 5L, K4
FORANT7 VR EWEHAL 72V AT L (FFT-KLD+F0
(PF)) &#MH L CTWi\WY AT 4 (FFT-KLD4F0) & Hi#g
U, KigZHEELRELTWEZ ehbhd., RANT7 4
VR D E4T > TWRWY AT A (FFT-KLD+F0) Tl
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(g) FFT-SE+F0 (PF)  (h) FFT-KLD+F0 (PF)

B 3 Low-frequency parts (8 kHz) of synthetic spectral amplitudes in each system. PF

means the post-filter.

N
o

95% confidence interval —

MUSHRA
5 8 3

w
o
T

n
o

WORLD-SE WORLD-SE FFT-SE+FO FFT-KLD+F0 FFT-KLD+F0 FFT-KLD+FO
(PF) (PF) (PF, 32kHz)

4 Subjective results.

B EN-MNMHEPEY TIERL, /1 RX%2E4L 80
é%éht#,ﬁxb74wa®m%hib/4z#ﬁm
ANz, ZOMRLIORANT 4V RIZESB FFT ARY
NVD ¥ — 275855, Griffin/Lim £ & 26 MHE T, &
FEERIZENTH D bbb

BEBIZ, RANT 4 VR &2 ﬁbﬁEFrx«ﬁbw
2D Y AF 4 (FFT-KLD+FO0 (PF), FFT-KLD+F0
(PF, 32kHz)) & @& EA I —X WORLD (2805 Y A5
2 (WORLD-SE (PF)) 2§ 2 &, X4 &0 IFIFAEMA
EDOMREL RS> T WS, RAM 74 VR EHEHLLZEAT
H FFT A2 MUVZHED K ¥ AT Ald Griffin/Lim #12
kBT, WIRERICEN ) 4 ABRELTWED, K
I— X EFAWESETED 20 — BTN S E DS EA
Tz,
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5. B8HYIC

AW TIE, MEARNT AN v 7 EHEERIZB VT,
FFT A2 F)UH S Griffin/Lim 12 & 0 fAHEC, K
R 7 —V T2, B X OCEMBE (OLA) (I2HO HH
WIREKEZRE Uz, BEY 257 L TIE, STRAIGHT »
WORLD & W o Zz@MERER 3 — X2 W E AL E
BAfThNg., SHEAMERICED, FHREEE2A50 FFT
ARZ hLD DNN FE€ FOUEEICIE, BRI FO F
D DNN € T NAADAF & UL TOFH, KLD i2&D
CEBREOMMPENTHEZ e ¥ otz /-, £
BIRHIIEBROMER I b, EFEETVIZL S FFT A2 b
NDFHEEE X FDICEVEIEVWAT, RARMZ71LED
HH P EWEREEOERIZBETHEZ b o,
RANT 4 VZEBEH U FFT AR2 bUIZEED BE
VAT LOMRE, mMEREAR I — X WORLD 1I2£D< &

B AT LOMERE L FRETH - 7=,

SHOMFFL LT, A— by a—Xz AWz HEiE
EEDFFT ARYT MV RET 2ERcREit, FFT
ARZ MV D=HD DNN IZEHEDT LK B N7 1)V X DR
PEIFoND., Tof, EEARI ML, SEBEEZOL
DOOMMAESHOMEE LTE TN,

6. HiEE

ARG D — I MEXT BHifE JP16K16096,

BRI

pall

at
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