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plitude (MMSE-STSA) £ [5] X, oy LA 70 5 1E F ik
ELTRLSHIZEES TN D.

LU, FEBUPALELI TSR 22 MEF HIE & M OHEE RS
DN S, BOBEFDELPFAEL, x> THIZD
DWEFRERDIENHD. iz, HABGEPRIZ 12—
THN I AR EMHENDFADOELPEC DN D D
Ra— VU A RENT, IR E T LTAE 5125
ETHNLHRECDOELTHY, ZOMEOHEREY I
EBREFROMELE LIAHLSED.

BRRY DEREYET D HEE UTHEEEIICES
HHE (Harmonic Regeneration Noise Reduction: HRNR)
DIREINTVWD [6]. BFSINEFITIIHEERT VL
KEENTEY, HEMEEZITOLEFTOLZ OEE
R i s . HRNR IZHESMEIL L - TRDOILTE
By EELL, LV REORWEFREZBZLIEMTHD.
HRNR ##82 L7=3m3C [6] Tik, — a0 HtEmEFEIC
%LU THRNR ##Hl CT& 5 & &N TW5DH, WFIZDW
TOFMERO RSN TV, £ 2 THRAIE, SS &
MMSE-STSA {£I2%F L C HRNR %M L72E 51220 T
FH 2TV, SEN/REINDSZEEHLNICLE (7).

—HT, IBHEEIECRS N T a—Y IV A X%
B RESETICHEEMEZITD T2 2a—T 7 ) —H
BIE] PREIN TS [8-10]. AHEO@EY,
AN ARZFZNZE>THRY REATHDL2D, Ja—
TR A X7V —HEEIEE, AR R T AR
THMEMTHS. T, Nakai 513 MMSE-STSA
BIZHESL I 2=V IN ) A X7 ) —HENETIELRE
LTW5 [9]. ZOFEIL MMSE-STSA {EIZ/ A 7 A fH&
FATSNREE X HATHZLIRY, I2a—V L/ A
REFAEIET, 1o, HEFROELEDDVRVMEETEZGH
NLHETHD.

ARWFIE TIEANA T A4 & FHT SNR #EE 4 E A L7
MMSE-STSA #£2% L, HRNR ZJgfl4 22 & T a—
AN A R B BESET, KVEBEFORLENDR
WHEEIETFEZRET S.

2. BEHEMRE
2.1 EBDEE
MES 2 A DBIIES o) 13, TOHEFES s(t) LS
F5 nt) PERVROXTRIND.
x(t) = s(t) +n(t) (1)

X (1) 2ERM 77— =BT 52 LT, kORUZESH
DEFRANRT PNELFD.

R

X(p,k) = S(p,k) + N(p, k) (2)
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HESINE & 1%, BUME S DAY NV X(p, k) IZAY
MTA v Glp k) T AbYE, RORICRTEFES
DARY MVOHEENE S(p k) ZRDDHZ L ThD.

S(p.k) = G(p, k)X (p, k) (3)

ZIT, AT MEF AL AIHEMETEICL o THRR S
28, —MEAIZIZERT SNR £(p, k) & ## SNR ~(p, k) OB
HThHY, kO LIHITEES.

G(p, k) = g(&(p, k), ~(p, k) (4)

BEH g \Z13kE 2 7 R IMETIEDO AT MVFA VB E
M5 (WF, MMSE-STSA {£72 L) [3,5]. %72, &(p, k)
Ey(p, k) ITROXTERINS.

E[|S(p, k)|?]
k)= BB 5
R = R, b ©)
| X (p, k)|?
k)= 2T 6
"= B, b )

AT 2R

2.2 MMSE-STSA %

MMSE-STSA 1%, O EFEE L HEEHFE 5Dk
BARYT VOV ZREE L RNCT HFIETH D [5].
MMSE-STSA D 22 kL7 A > Ggrsal(p, k) (ZRO
XCTERIND.

_ Ve k) (3 L
GSTSA(p7 k) - 'Y(p, k) r <2> M (_27 ]-7V(p7 k))
(7)
ZZT, T(h), M(a;b;2) i ZEhEhT e~k H—HE
AIBRMEHEEL, vip k) ITkOXTEEND.
£(p, k)
BVCLIN 8
L ®
HHT SNR £(p, k) ZRDDFRICHEFEHF OB RSP LI & e
L0, FERETEFEEZHANCHDLZ LITTERN. £
ZT, RATHEENS decision-directed {EZFIF L, =i
SNR £(p, k) 2 HET S [5].
: Gp—1L,kE-1D)X(p-1)?
£(p, k) =a <
E[|N(p, k)|?]

v(p, k) =

ZITC, ol TEEMREE IR, BT L— A0 RE ED
FEEEFRT SNR OHEEICFIAT 20 &2 RO DT A =X T
HBH. —IZ, a=098 LRETDIEFEOH TR E
W& Ehs (3,5, Max|a,b]1E, a & bDHHREVMELE
T2 THD.
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2.3 HRNR
2.3.1 HRNR OE#I SNR

AR, RN HEE T AT O & B P OBERS D
EBH, TROMEEHILEE5. HRNR 2k b -5
R EAEITET BT OIIRBE SN TETH S [6). HRNR
OB N E K 1 IR T. HEEMEICL > TH LN
72155 S(p k) VT, HRNRIZEIF D ALY f LA
A1 Gurnr(p, k) & n+ A9 5. "Eﬁ?fﬂr&[_ﬂg‘% RO
D X o, BIE S HRNR IZEBIT 5 A7 M7 A
¥ Gurnr(p, k) T8 T/a\?bﬂi, EFWEF@X“\? L DHE
EfE Sursr(p, k) KD 5.

Strnr (9, k) = Gurr (9, k)X (p, k) (10)
HRNR (2817 5 AT M5 A Gurar(p, k) (ZELT
\—ﬂ_\‘j*i 912, HRNR @ FHHij SNR gHRNR( ) L FE%
SNR y(p, k) DR CTHEEIND.

Gurnr(p, k) = h(Earnr(p, k), 7(p, k) (11)
22T, BE RICER (4) O g LRBRICHESMIES A v

RBIRCX 5. ¥7-, HRNR OHFil SNR urnr(p, k) 1,
KOXTREND.

éHRNR(p7 k) =p(p, k)Em
+ (1= plp. by e By

E[IN(p, k)]

22T, p(p, k) 1% Sarnr (p, k) OHEE ICHETHIER 50 %
7 b S(p, k) O E L ORERAT 5 0% 5%
FA=ZTHY, K (4) IR THHEEMETED AT hr
PAVICRETDEEBVE SN [6]. £72, Sharmo(: k)
ITETEE T DAY MV EMEEI, RO L DIZEFRSIND.

[NL@mﬂﬂ@mD} (13)

T ZT, NL(-) I3IE0EBE GRExHE, FHieiBise &),
FT[], IFT[] ZZhZzh 7 — U =4Hs, W7 —Y =45
T
2.3.2 HRNR O#EFMEEL I 21—
E0HEE

HRNR IZBWT I 2a—Y v ) A ARFEE LRIk
RE(LLF, Ra—Uhn /A4 X7 Y —IREE) BEET D0
B XV ERT 5. 2T, HRNR ONEAT A —2 %
LS, HEEMER L I 2— VWL ) A ZRA RO
A LT

EBRIZHT-0, MEIEEE I 22—V hV ) A AAR
OFHiD 728, ZEi, Noise Reduction Rate (NRR)
& Kurtosis Ratio (KR) Z vz [8]. 72, KRA 1L
DEZX, Sa—UHN I AZXPRELTNRNT L AR
. EBRSEMEE LT, RS A AT SNR 0 dB TRA L

Sharmo(pa k) =FT
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Fig. 1 Block diagram for HRNR.
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Fig. 2 Relation between NRR and KR for HRNR with increas-

ing parameter p.
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HENE

Z 1 E T, Kanehara 512X > T MMSE-STSA iEi2B1T

LMETEMERE S 2 — UL ) A R4 B ORI HE R

Frick VAL ENTEY, MMSE-STSA EI2BW\ T
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I ART Y —RENFAEL RN EDRSATND [11].

% 2T, Nakai HIE—#xAY72 MMSE-STSA {EIZ/3 14 7 A
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HEZREL, ROLIIHESND.

Glp—Lk-DX(p- 1P
E[|N(p, k)[?]
+ (1 — a)Max[y(p, k) — 1,¢] (14)

gbias =«

ZIT, el dINATAETH S.

3. REF®E

3.1 NAF7REF%EALI- HRNR OER] SNR
BrlEIa—T N A X e RBEIET, HTFEL
HODIRWHEEMIEFEEZ B E LT, HRNR IZH£5<
Ra—V AN ART ) —HEMEFEERET S, K&
FZ, MMSE-STSA {EICAA T AEZFHRITHZ LTI a—
AN A ZRFERPBAOT D ENMEN TN [12].
# 2T, Fx i3 HRNR O %5 SNR Egrnr(p, k) (25 LAY
AT AEERT, X (12) ZROLHITEFTDH.

gprop(p7 k) =peonstMax [E[N(p, k)|2] NO

|Sharmo(p7 k)|2

BN

+ (1 - pconst)
DI, Eprop(p, k) IHERRFIRIC BT HFil SNR, & 13731
TXfﬁ, Pconst 130 < Peonst < 1 @ﬁ§if%é éprop(pv k)
ERNT, & (11) EFEEC ALY FAFA Y Gprop(p, k)
2155,

Goprop (P, k) = 1 (Eprop (P, k), Y (., k) (16)

ZIZT, B I (4) @ g ERBRICHESIE S A v
BEIRTES.

3.2 REFZEOHFNEELIA—PHIL/ A XFEESE
O] [EA

2.3.2 i L [AERIC, 2 (15) ONE ST A—2 B AT L, #7
RTFEOEFEERET D, K (15) (21F peonst £ € D2 D
DIRT A= NH LD, K TIE peonst ZHEEL, & %
BESEDZ L L LT peonst 0.1, 0.5, 0.9 LEE LT
3ODMICEEL, & 2025 3.0 £T0.05%HTELS
7.

FERTIEICBT A MEMTEREE I 2 — TV ) A R34
EORRAEK 3ITRT. 3Mb, ¢ #HEMEE 5 & NRR
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ONTKRIEHEVENRLARL 2D, £72, peonst = 0.1
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Fig. 3 Relation between NRR and KR for proposed method

with increasing parameter &’.
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[ MMSE-STSA estimator Musical-noise-free MMSE-STSA estimator
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Fig. 4 KR at 0-dB and 5-dB input SNRs.
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5. F&H

AT, HRNR IR LI 2a—Th L) 4 X7 ) —
MMSE-STSA &0 L7 FEAERZE L. RIZ, MMSE-
STSA ¥, HRNR, X =2—YH/1 /A4 X7 Y —MMSE-STSA
BEE OWRFEREIT o7z, IRERN S, BETIRII 2 —
NI ARFEARE, BEREEHLEDOETENLTNDZ &
FHONILE. S%OBEE LT, BREFEIIBTD
Ra2—TUHN A RT Y —IREOTFEIC DWW CHEGRAICH
5T 5.
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